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1. #Ek

1.1 %% H &

A28 Tina F & F E SRR 77 %

1.2 & A 3t &

Allwinner 2% & Tina

Allwinner # ¥ & R6, R7s, R11, R16, R18, R30, R58, R328, R332, R333, R311, MR133, T7

1.3 KA R

Tina ‘¥ & T #AT FMAE R I L 89 T,

1.4 # R ATE

AiE R I B

ALSA Advanced Linux Sound Architecture

DMA EEAGFFER, BHETL cpu, EBEAREN AT, NEMNE, RE&MK
%2 8 £

ASoc ALSA System on Chip

B A K E sample HARZIDKEAMERERN LA, FEA 16 L

i# # # channel BHEA 1 ke FEE, 2 WELKE

i frame WK T — AN FE R, EKEAFEAKE S # 3 H RN

KA & rate BV RFRE, ZREEH W E

JE # period FMRE—RRERFENDL, T FHREEAE B UL F MR
Y, AR DA AL

SRR B TH, B K 1
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AE i8R 13t B

R#EEK interleaved E—FFAKENIETHENX, ERBFHEKXT, KEUESWTXFH,
BlE ik el 1 WAFEM ARG FHEMEAR (BEALEFER), B
B2 WIER, MEFREHEKXT, HEICKEE— AN A BN E
FHEHA, BEZFFERAR, BEIUESZRENTAFE. THEHK
BRT, RNAFEEARGHEARTUT

audiocodec SHRAEFAED

daudio HFFEMED, FEE R 2S/PCM 5 7% F H £ 0
dmic HFZEo

MAD Mic Activity Detector, 15 & 8 & 16 | 4 32

AGC Automatic Gain Control

DRC Dynamic Range Control

2. A4

Linux TEF M F Z2 5% F ALSA M523, ALSA BRI EL R A T Linux WEREME R &4,
TERZE SR E, ALSA 4t T alsa-driver, [E B 75 F 2, ALSA A& AN1#R# T alsa-lib, N FHEF
H A A alsa-lib 12 #t#9 API, B ¥ DL AT R B 5 SRR 2R B 35 4 .

2.1 W AE 2

Tina SDK % & F & 89 F MK & W 513 K JH ASoC ZE 4 2. ASoC = T A7 % alsa 3 B
b, ATEFH I HFHRNAREEMEN L E TN T codec W—FERHERZ, ASoC ¥ F IR 4o
# 3 # 4. Codec, Platform 7 Machine.

1. Codec 3

ASoC ¥ —NEEZ X ITENH 2 E K Codec B AZFEL AN, CEET —LFMAEMH
(Controls), & # # I DAMP(zh & & M R B ) B & X Fr FE 2 Codec 10 Thet. # T RIEE 4T
KM, B E T & L& o R A A E 4% 2| Platform 7 Machine 2/ #

B AT 8 Codec R348 4R ft DL T4 4%

SRR B TH, B K 2
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e Codec DAI (Digital Audio Interface) 2 PCM # L & 1z &, ;

e Codec #y 10 %l 7 3\ (12C,SPI %);
o Mixer F1 By 5 47 15 1
e Codec 1 ALSA E i #/EHE O

2. Platform K 3
T A4A T % SoC “F & i 5 5 DMA Fr & #fi 4 O i it B fo i
4 5K F 5 codec 8 % Hy KA,

3. Machine X 7/ # %4 ¢4 Platform #7 Codec I 54 & 1~ T 1E 4,
— R AR T RN R & E AR T,

ALSA Application

ALSA core

;

ASoC core

;

I

# (12S, PCM, AC97 %%);, —# T

' 55 77 & Machine I 5 3 € 14 & &

User space

Kernel space

Audio driver

Machine
driver

Codec Platform
driver driver

AudioCodec,AC108...

Hardware

B 1: ASoC 1E &

SRR B TH, B K 3
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22 FHELDANAE

ARG FIE DA

AudioCodec
Daudio(12S)
e Dmic
Spdif
e MAD

TEEEF el ENED FRLSE EF; TRRASHNZ, XALE ALSA Ba &7 T 1~ F; &
2R ENE AN

23 R6 FHFED

2.3.1 BEHERIE

R6 &4 2 MEFHHER, 4 7% K E audiocodec VL & daudioO.

SRR B TH, B K 4
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Codec Daudio0
Mic External
Speaker Codec

Kl 2: R6 & #HE 1H4E &

2.3.2 B4R

R6 H, 2 455 A S iy B R 34 5k B pll audio
pll_audio ¥ DL tH 24.576M =& 22.5792M HyET 97, 4R X FF 48k A7, 44.1Kk R 0K F

SRR B TH, B K 5
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2.3.3 KA 2 Ay

pll_audio

Y Y

codec clock 12s0 clock

Y Y

audiocodec daudioO

& 3: R6 H 44 &

I—— sun3iwl_codec.h

|—— sun3iwl_daudio.h

|—— sunxi_cpudai.h
|—— sunxi_dma.h

linux-3.10/sound/soc/sunxi/
F—— sun3iwl_acl01.c // daudio+acl01#machine i 5/
F—— sun3iwl_codec.c // codec B

F—— sun3iw!1_daudio.c / daudio#iplatform 3% 5

I—— sun3iwl_sndcodec.c // codec machine™X 5]
F—— sunxi_cpudai.c // codec platform ¥

F——sunxi_dma.c 7/ # A X, & 63E Mplatform B #9810 FAH 4 B ¥ %

F——sunxi_rw_func.c/ B R X, HEEWKFTFEREED

SRR B TH, B K
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L— sunxi_rw_func.h

linux-3.10/sound/soc/codecs/

I—— acl01.c // daudio+acl01#codecIr 5
L—acl0l.h

2.3.4 Audiocodec

R

o 1 DAC

— ¥ 16bit,24bit K EAE E
— X # 8KHz~192KHz X # %

— % ADC

— ¥ 16bit,24bit K FEAE E
— ¥ ¥ 8KHz~48KHz X # &

—BAEM H: — % LK% headphone ¥ i (HPL, HPR)
g % AL N\ . MIC,FMINL,FMINR,LINEIN
X # [A B playback 7 record(2 M T )

2.3.4.1 Azt &

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
<*> ASoC support for SUNXI --->
<*> ASoC support for sun3iw1 audiocodec
<*> ASoC support for internal-codec cpudai
<*> ASoC support for sun3iwl audiocodec machine

X RBRTH, BALT
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2.3.4.2 sys_config ft. &

[sndcodec]
sndcodec_used = 0x1

[cpudai]
cpudai_used = 0x1

[codec]

codec_used = 0x1

headphonevol = 0x3b

maingain = 0

pa_sleep_time = 30

gpio-spk = port:PD03<1><1><default><default>
gpio_shdn =1

sndcodec F2 &, BN machine 3% 5 #y 48 X B &

sndcodec it & sndcodec B & ¥, B
sndcodec_used & & F sndcodec . 0: AMEH; 1: A

cpudai Bt &, B[ platform IXz/ # 48 < Bt &

cpudai it & cpudai e, & it B
cpudai_used & & {# | cpudai Kz, 0: ~EA; 1: #EA

codec it &, B & audiocodec Iz ¥y X B2 &

codec It & codec fit. & ¥, #H

codec_used & & 1# fl codec a5, 0: FFEH; 1: #A

headphonevol headphone volume, ¥ % & 3% F 0~0x3f, 0 &~ mute, 1~63 &~ -62dB~0dB,
1dB/step

micgain mic ¥ z3, ¥ % % E 0~0x7, 0:0dB, 1~7:15~33dB, 3dB/step, — X 1% & 0x4, B}

24dB. R AE K acc E ¥, NFHEXE N 0dB
pa_sleep time # 1€ PA Z J5 By JE Bt B JE] (JF] ok 3 % pop ), £ L ms
gpio-spk PA £ a2 5| i

SRR B TH, B K 8
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codec fit. & codec Tt & it BH
gpio_shdn PA 5l ffEEE 7R O: RE-FAEM; 1: HHEFAEK
FEEEI:

o tn R M E F ¥ fn# audiocodec & F, % E ¥ codec,platform,machine X zj #F #& Lk, Ef
codec_used,cpudai used,sndcodec used #F & ¥ 1;

e headphonevol ¥ E 2 ER MMM ERE, #AN K%L LUHE T amixer T £ xF f7 35 ¢ #
THRBU

o /T % gpio-spk 2 GELE E#H, &&HHLMERE A T Z gpio;

o %7 gpio-spk & F pafEre T s, oy F oAl gpio num FE, ATLAF LLE B gpio T
& gpio_num;

e /£ & gpio_shdn, ZFFZhALE PA 5|2 & B-F AR, LEEEFAHK

2.3.4.3 codec %5 1B %

SYSTEM
BUS

MICIN [~
s>
i + ADC  fmpp
LINEIN o
FMINL
EMINR ‘
DOE
0
— AVCC/2
Y ;
E oy ‘i’
HPOUTI ‘ mﬁ._ [ F F«I»T}m DAC
HPOUTR /gw l_-l-_lt%_ DAC |

Kl 4: R6 & #i i %

R6 7 & B audiocodec Iz & 75 #F A A BT E B % EAH 5@ ¥, 2R\ audio map:

SRR B TH, B K 9
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e 25

4

DACL > HP_L Mux —> HPOUTL

DACR > HP_R Mux --> HPOUTR

K H R NARAE F B4R AE 2 R = 8] gk 18 B

T EMICH 15

MICIN > ADC Mixer > ADC

Tl A #HAECHIE (1 5 E5H B B X B )

Left Output Mixer --> ADC Mixer -> ADC

Right Output Mixer --> ADC Mixer -> ADC

R6 8 A5 0 T & :

4 o1 &E. #fE
ADC INPUT GAIN control ~ ADC # i 0--7, &7~ -4.5--6dB
ADC MIC Boost AMP en MIC Boost AMP % & 0: XM 1: JF B
ADC MIC Boost AMP gain MIC 3 3% 0--7, 0:0dB, 1~7:15--33dB
control
ADC PA speed select PA i it # 0:normal; 1:fast
ADC mixer mute for FML ADC Mixer % &, £6 FML # % 0: XH; 1: 7T B
ADC mixer mute for FMR ADC Mixer % &, 6 FMR#E® 0: <H;1: FF B
ADC mixer mute for left ADC Mixer X &, 18 leftoutput 0: X K; 1: 7B
output Mixer i %
ADC mixer:mute for linein ADC Mixer 1% &, 1 & linein # %  0:%xH; 1: T B
ADC mixer mute for mic ADC Mixer % &, & mic#@% 0: XH;1: FF B
ADC mixer mute for right ADC Mixer % &, £ 8k right 0: xH; 1: FF B
output output Mixer i #
LINEIN GAIN control linein 2| output mixer #J3¥ % 0--7, 0~7:0--14dB, 2dB/step
MICIN GAIN control MIC | outpu mixer Hy3E t1 0--7, k7~ -4.5--6dB
dac digital volume DACH F & & 0~63, &~ 0~-73.08dB,

-1.16dB/step
head phone volume headphone & & 0 &7~ mute, 1~63 &7~
-62dB~0dB, -1dB/step
A BRI H, BALR 10
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e
FEHEBREFM:
WES TSNS PR
i# I MICINF % :
amixer -D hw:audiocodec cset name='ADC MIC Boost AMP en' 1
amixer -D hw:audiocodec cset name='"ADC mixer mute for mic' 1
amixer -D hw:audiocodec cset name='"ADC MIC Boost AMP gain control' 4
2. W# AEC(F1 4 £ 48 AEC HLE)
amixer -D hw:audiocodec cset name="ADC mixer mute for left ouput' 1 \&Q
Q
2.3.5 Daudio
AR
o — % 12S/PCM;
o XFEMNHR
o X FF Left-justified,Right-justified,Standar mode 12S,PCM mode
o SUHF i2s,pem TS AL E
e ¥ ¥ mono f¥ stereo B R,, o X 2 E
o X ¥ [ A palyback 7 record(2 W TH# )
o FH 8~192KHz X # %
o X H 16,24,32bit XK
2351 AZRE
2 ERBEHMAFTH, RIXL K 11

Copyright © 2019 Allwinner Technelogy. All rights reserved.



<‘Auwmnw

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
<*> ASoC support for SUNXT --->
<*> ASoC support for daudio platform
<*> ASoC support for sun3iwl & ac101 daudio machine

2.3.5.2 sys_config fi. &

[snddaudio0]
snddaudio0_used = 1

2
%

over_sample rate =128

[daudio0]

daudio0 used =1
word_select size =32
pem_sync_period = 32
pem _lIsb_first =0
over_sample_rate = 128
slot width_select =16
pcm_sync_type =0
pem_start_slot =0
tdm_config =1

snddaudio0 B2 &, EF daudio0 machine X 5 #4 48 5% Bt &

snddaudio . & snddaudio o & . BH

snddaudio0 used & % {# | snddaudio Bz, 0: FFEH; 1: A
over_sample rate FHF 12815/19215/25615/38415/512£5/768fs

daudio0 B2 &, EF daudioO platform % 5 ¢ #8 < Bt &

daudio it & daudio Bt & . #H

daudio0 used & & # A daudio Bz, 0: AFEH; 1: FH
word_select size F #F 16bits/20bits/24bits/32bits
pcm_sync_period 16/32/64/128/256

X RBRTH, BALT
Copyright © 2019 Allwinner Technelogy. All rights reserved.
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daudio B2 & daudio 2 & 1t #A

pcm_lIsb_first 0: msb first; 1: Isb first

over_sample rate F#F 12815/19215/25615/38415/512£5/768fs
slot width select 16bits/20bits/24bits/32bits

pcm_sync_type 0: long frame sync; 1: short frame sync
pcm_start slot 0: 1stslot; 1: 2nd slot; 2: 3th slot; 3:4th slot
tdm_config 0:pcm 1:12s

2.3.6 4M4E codec:acl01

R6 A7 Z1# F 89 acl01 {E W & # & &, audiocodec N 3 #| B %/ AEC T @ *F R6 405 Bt & # &
acl01 1Efa A4

2.3.6.1 A&

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
<*> AC101 Codec
<*> ASoC support for SUNXI --->
<*> ASoC support for daudio platform
<*>-ASoC support for sundiwl & ac101 daudio machine

2.3.6.2 sys_config&dts it &

R6 i# 3T twil 5] acl01, T 12s0 A T F /B8 £ 4

twi B &, 7@ 3T dts FHATHL &

SRR B TH, B K 13
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linux-3.10/arch/arm/boot/dts/sun3iw 1p1-sitar-mic2.dts
twil: twi@0x01c27400{
aclOl@la {
compatible = "x-powers,ac101";
reg = <Oxla>;
audio_int ctrl =<&pio PL 1261 1 0>;
audio_pa_ctrl =<&pio PG 13111 0>;
speaker val = <0x1b>;
headset_val = <0x3b>;
single speaker val =<0x19>;
double speaker val = <0x1b>;
speaker double used = <1>;
earpiece val = <0xle>;
mainmic_val = <0x4>;
headsetmic_val = <0x4>;

dmic_used =<0>; D
adc_digital val = <0xb0b0>; -

»
agc used = <0>; Q

drc_used = <1>;
linein_to_spk used = <0>;
linein_to_hp used = <0>;
linein_to_aif2 used = <0>;

i2s F o BCE # LALE T dts BL &, 7] DL 3 sys config & 5 dts (WL E

[snddaudio0]

snddaudio0_used =1

over_sample rate =128
sunxi,snddaudio-codec = "ac101.1-001a"
sunxi,snddaudio-codec-dai = "ac101"

o
[daudio0] \\ S
daudio0 useQ\‘é 1

word_select size = 32

pem_sync_period = 32

pem _lIsb_first =0

over sample rate =128

slot width_select = 16

pcm_sync_type =0

pem_start slot=0

tdm_config =1

12s HH K A F EARIE acl01 spec #HATHL &

il snddaudio0 F, & codec HY & #¢, % E 5 5LFr ac101 B dev name 48 IE e, M codec-dai 4 # |

SRR B TH, B K
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5 acl01 Iz # 1% B 89 dai name 48 [T i

2.3.7 AR EF N T &
REVETENPENRE FHTER, FTHNR44L
2.3.7.1 &k

tn §2.3.4.3 codec F{EE B) EW AT, WM RAAF ELEERE T &5 %
ARG G HE B E Taplay T EH#ATHE MBI,

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

A TEe AR TR LR EE

amixer -Dhw:audiocodec cset name="headphone volume' 50

2372 F% %5

FEFEF acl0l #FTREFHER T RXTH & ZIE acl0l WFHMAE, sdk BIAEE 31 B & #H TR
B, MXEERM AL

/etc/init.d/rc.final

] DL B 3 3T arecord A #HATEK T

arecord -Dhw:sndac1011001a -f S16_LE -r 16000 -c 2 /tmp/test.wav

SRR B TH, B K 15
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2.4 R7s THEH

2.4.1 B RIE

R7s #4242 MF MR, 452K E audiocodec L X daudioO.

T

Codec Daudio0
Mic External
Speaker Codec

Bl 5: R7s & #4E 1+1E

2.4.2 B4R B

R7s #, 2 ANF M S iy bt 4708 4k B pll_audio
pll_audio 7] DA% ) 24.576M 2 # 22.5792M By AT 48, 4B X 48k £ 7, 44.1k AP HEHE T .

SRR B TH, B K 16
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pll_audio
codec clock 1250 clock
N
audiocodec daudio0
Kl 6: R7s At 44 R
2.4.3 KA &
linux-4.9/sound/soc/sunxi/
F—— sunxi-pem.c // 12 & i Mplatform B3 898 1 R AH = B E
|—— sunxi-pcm.h
|—— sun8iw8
| | sunxi_codec.c // cpudai B
| | sunxi_codecdma.c // codec platform35)
| |—— sun8iw8_sndcodec_new.c // codec I 7]
| L——sunxi_sndcodec.c // codec machine 32 5
F—— sunxi-daudio.c // daudio platform ¥ 7/
L—— sunxi-snddaudio.c // daudio machine 3 5
linux-4.9/sound/soc/soc-utils.c // daudio codec3r 5
A BRI H, BALR 17
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2.4.4 Audiocodec

B AR

# % DAC

— X ¥ 16bit,24bit FHEHE E
_ ¥ 8KHz~192KHz F £ %

% ADC

— X % 16bit,24bit R M E
— X # 8KHz~48KHz K # %

P B U

— —E Rk F LINEOUT % # (LINEOUTP, LINEOUTN)
— — ¥ 7k * headphone i 1! (HPOUTL, HPOUTR)

7 BB MIC1,MIC2

o ¥ [ At playback £ record(2 W T R)
e 3+ ADC #1 AGC,DRC 7 &

e X # DAC #1 DRC 3§k

2441 AZIEE

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
<*> Audiocodec for the SUNXI chips

2.4.4.2 sys_config I &

X RBRTH, BALT
Copyright © 2019 Allwinner Technelogy. All rights reserved.
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B
[codec]
headphone_vol = 0x3b
lineout_vol = 0x1la
audio_pa_ctrl = port:PB05<1><default><default><0>
adcagc_used =0
adcdrc_used =0
dacdrc_used =0
adchpf used =0
dachpf used =0
codec fL & codec T & it BH
headphone vol headphone volume, F[ % & 3 F 0~0x3f, 0 & 7~ mute, 1~63 &~
-62dB~0dB; 1dB/step
audio_pa_ctrl PA £ RET|
adcagc used 1:use adcagc 0:no use
adcdrc_used 1:use adcdre 0:no use
dacdrc used 1:use dacdrc 0:no use
adchpf used 1:use adchpf 0:no use
dachpf used l:use dachpf 0:no use
2 SRR, BNL R 19
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2.4.4.3 codec Z51E i B

MICBIAS MICBIASEN HBIAS . —~ HBIASEN
AP — 25y V»r'v—:\A/ - 2.5V
micze . ] - ADC HMicDATA  SYOTEM
| i e
W"M b + —[G/—k\ADC_L
MIC2N 11 b_
CiNEiE _
} _%':I:: 7
HPCOMFB L -
(M + G> ADC_R
Ijis: = inamass
M1 M —
M1 [M1[M]
-
———<—<_DAC_.L
YyYvyy
wpour | | G ] :R<| + | [Ty
v \AA —|
HPOUTR & ‘ [+ <« DAC R
LINEOUP G — |
LINEQUTN ; G:'
&l 7: R7s & @ B
A
DACL --> Left Output Mixer --> LINEOUTL
DACR --> Right Output Mixer --> LINEOUTR
F*E
MICI1P --> LADC input Mixer --> ADCL
MIC2P --> RADCsriput Mixer --> ADCR
\ 2 X
eRCE A 7 &k HfE
Lineout volume lineout ¥ 81X & 0--31, &7~ -43.5--0dB
ADC input gain control ADC ¢ #1 0--7, &7~ -4.5--6dB
HP_L Mux HP L Mux % & 0:DACL HPL Switch;
1:MIXER L Switch
HP R Mux HP R Mux % & 0:DACR HPR Switch;

I:MIXER R Switch
LADC input Mixer MIC1 boost ~LADC input Mixer % &, 1# & 0: XHl; 1: It B
Switch MIC1 3 %

X RBRTH, BALT
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e 25
4R o /e M
LADC input Mixer MIC2 boost ~ LADC input Mixer %X &, & 0: xH; 1: FF B
Switch MIC?2 i#
LADC input Mixer 1_output LADC input Mixer % &, f##¢ 0: XW; 1: FF B
mixer Switch 1 output i #
LADC input Mixer r_output LADC input Mixer X &, f# & 0: < H; 1: FF B
mixer Switch r_output i #
Left Output Mixer DACL Left Output Mixer 1% &, £ & 0: xH; 1: FFE
Switch DACL i #
Left Output Mixer DACR Left Output Mixer %X &, & 0: X H; 1: FF B
Switch DACR &%
Left Output Mixer Left Qutput Mixer %8, f# & 0: % ; 1: FF B
MIC1Booststage Switch MIC1 i# %
Left Output Mixer Left Output Mixer X &, & 0: XM 1: I B
MIC2Booststage Switch MIC?2 & %
MIC1 boost AMP gain control MIC1 # 3 0--7, 0:0dB, 1~7:24--42dB,
3dB/step
MIC1_G boost stage output MICI to L or R output Mixer # 1  0--7, &~ -4.5--6dB
mixer control
MIC2 SRC MIC2 SRC % & 0:MIC3; 1:MIC2
MIC2 boost AMP gain control MIC2 # 25 0--7, 0:0dB, 1~7:24--42dB,
3dB/step
MIC2_G boost stage output MIC?2 to L or R output Mixer ¥ 1  0--7, &~ -4.5--6dB
mixer control
RADC input Mixer MICL-boost RADC input Mixer W&, 1¥ gt 0: < H; 1: FF B
Switch MIC1 # %
RADC input Mixer MIC2 boost RADC input Mixer 1% &, {##¢ 0: XW; 1: FF B
Switch MIC2 i %
RADC input Mixer 1_output RADC input Mixer %X &, f# 8 0: xH; 1: FF B
mixer Switch 1_output i #%
RADC input Mixer r_output RADC input Mixer % &, £ 0: XW; 1: FF B
mixer Switch r_output i %
Right Output Mixer DACL Right Output Mixer X &, #a  0: KXH; 1: FF B
Switch DACL i# %
A BRI H, BALR 21
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4R o /e M

Right Output Mixer DACR Right Output Mixer & &, &  0: XW; 1: T B

Switch DACR # %

Right Output Mixer Right Output Mixer X &, g  0: XM 1: T B

MIC1Booststage Switch MIC1 # %

Right Output Mixer Right Output Mixer % &, &  0: XM 1: 7T &

MIC2Booststage Switch MIC2 i #

SPK_L Mux SPK L Mux X & 0:MIXER_L Switch; 1:MIXR
+MIXL

SPK_R Mux SPK_R Mux % & 0:MIXER_L Switch; 1:MIXR

digital volume

headphone volume

HFFERE
headphone & 1% &

+MIXL
0--63, &7~ -73.08--0dB
0--63,0 & 7~ mute; 1~63 &Ko~
-62dB--0dB

B3 E

1.

# it lineout % % :

amixer -D hw:audiocodec cset name='SPK L Mux' 1

amixer -D hw:audiocodec cset name='SPK_R Mux' 1

amixer -D hw:audiocodec cset name='Right:Qutput Mixer DACR Switch' 1
amixer -D hw:audiecodec cset name='Left’Output Mixer DACL-Switch' 1
amixer -D hwsaudiocodec cset name='digital volume' 6

2 B

N
S
my

SRR B TH, B K
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WA MIC1,MIC2 % % :
amixer -D hw:audiocodec cset name='"LADC input Mixer MIC1 boost Switch' 1

amixer -D hw:audiocodec cset name="RADC input Mixer MIC2 boost Switch' 1
amixer -D hw:audiocodec cset name="MIC2 SRC' 0

amixer -D hw:audiocodec cset name='"MIC1 boost AMP gain control' 4

amixer -D hw:audiocodec cset name='"MIC2 boost AMP gain control' 4

2.4.5 Daudio

BRI

— % 12S/PCM;

TEHEEAERX

¥ #F Left-justified,Right-justified,Standar mode 12S,PCM mode
X # i2s,pem TG A B B

3 # mono 7 stereo 1% X,

X # [ Bt palyback 7 record(2 W T R)

X 8~192KHz K %

X 16,24,32bit KK E

2.45.1 AZIEE

\‘ N
D
Device Drivers --—>
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->

<*> Allwinner Digital Audio Support

2.4.5.2 sys_config ft. &

SRR B TH, B K 23
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[tdmO]

daudio used =0
daudio_master =4
daudio_select =1
audio_format =1
signal_inversion = 1

pem_lrck period = 32
pem_lrckr period = 1
msb_Isb_first=0
sign_extend = 0
tx_data_ mode =0

rx_data_mode =0

i2s_doutl =
i2s dout2 =
i2s_dout3 =

sample resolution = 16
slot_width_select = 16

;128 mclk = port:PB08<2><1><default><default>
i2s_bclk = port:PG11<2><1><default><default>
i2s_lrclk = port:RG10<2><1><default><default>
i2s_dout0 = pert:PG12<2><1><default><default>

i2s_din = port:PG13<2><1><default><default>

tdmO #t. &

tdmO 2 & 1. B

daudio master

daudio_select

audio format

signal _inversion

1: SND _SOC_DAIFMT CBM CFM(codec clk & FRM master), Bl daudio £
E 1€ 4 slave, codec 1E A master 2: SND SOC DAIFMT CBS CFM(codec
clk slave & FRM master), — % 1~ A 3:

SND SOC DAIFMT CBM CFS(codec clk master & frame slave), — #& 1~
4: SND SOC DAIFMT CBS_CFS(codec clk & FRM slave), BF daudio # &
1€ A master, codec {E 4 slave

0: ' pcm mode; 1::i2s mode

1: SND_SOC_DAIFMT I2S(standard i2s format) 2:

SND_SOC DAIFMT RIGHT J(right justfied format) 3:

SND _SOC DAIFMT LEFT J(left justfied format) 4:

SND_SOC DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK rising
edge after LRC rising edge) 5: SND SOC _DAIFMT DSP_ B(pcm. MSB is
available on 1nd BCLK rising edge after LRC rising edge)

1: SND SOC DAIFMT NB NF(normal bit clock + frame) 2:

SND SOC_DAIFMT NB_IF(normal BCLK + inv FRM) 3:

SND SOC DAIFMT IB_NF(invert BCLK + nor FRM) 4:

SND SOC_DAIFMT IB_IF(invert BCLK + FRM)

SRR B TH, B K
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%

tdm0 2 & tdm0 #C & i A

sample_resolution K EEAE L, 16bit, 24bit,32bit

slot_width_select X ¥ 8bit, 16bit, 32bit 5. &

pem_Irck period F L E 16/32/64/128/256 /> belk

pem_Irckr period B L E 16/32/64/128/256 /> belk

msb_Isb_first 0: msb first; 1: Isb first

sign_extend 0: zero pending; 1: sign extend

tx_data mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
rx_data mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
i2s belk i2s belk 7|

i2s_lIrclk i2s_lrclk 7|

i2s_dout0 i2s_dout 5| f#

i2s_din i2s_din 5| i

2.4.6 77 2 F MK T %

ZEVTEENBESZE LHTER, FTFEHN A &4

2.4.6.1 ¥k

Q
amixer -D hw: audlocodec cset name= SP@\L Mux' 1
amixer -D hw@dlocodec cset name=SPK R Mux' 1
amixer -D hw:audiocodec cset name='Lineout volume' 24
amixer -D hw:audiocodec cset name='Right Output Mixer DACR Switch' 1
amixer -D hw:audiocodec cset name='Left Output Mixer DACL Switch' 1
amixer -D hw:audiocodec cset name='digital volume' 0

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

EEEAR RS TSN 2

amixer -Dhw:audiocodec cset name='Lineout volume' 50

X RBRTH, BALT
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2.4.62 &

%~ 1% A audiocodec # 1T MIC1,MIC2 X &

amixer -D hw:audiocodec cset name='"LADC input Mixer MIC1 boost Switch' 1
amixer -D hw:audiocodec cset name="RADC input Mixer MIC2 boost Switch' 1
amixer -D hw:audiocodec cset name='"MIC1 boost AMP gain control' 4

amixer -D hw:audiocodec cset name="MIC2 SRC' 0

amixer -D hw:audiocodec cset name='"MIC2 boost AMP gain control' 4

arecord -Dhw:audiocodec -f S16_LE -r 16000 -c 2 /tmp/test.wav

25RI1 EHiED

2.5.1 B RIE

R11 @& 2 ANF M3, 472K E audiocodec DL % daudioO.

SRR B TH, B K
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Codec Daudio0
Mic External
Speaker Codec

Bl 8: R11 & S #E 1 4E

2.5.2 B4R

RI1 9, 2.4 F AL Sk 0B 40 IR 2 % E pll_audio
pll_audio ¥ L% H 24.576M 3t 22.5792M Hy BT 47, 47| X FF 48k A7, 441k RN HE R K F .

SRR B TH, B K 27
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pll_audio

Y Y

codec clock 12s0 clock

Y Y
audiocodec daudio0

& 9: R11 B4+ B

2.5.3 A 4 Ay

linux-3.4/sound/soc/sunxi/
I—— audiocodec
| F——sun8iw8_sndcodec_new.c // codec B3}
| I—— sun8iw8_sndcodec.h
| F——sunxi_codec.c // cpu dai B3
| F——sunxi_sndcodec.c // codec machine B3
| I—— sunxi_codecdma.c // codec platform W ]
| L— sunxi_codecdma.h
L— daudio0
b—— snddaudio0.c // daudio codec 5}
b—— sunxi-daudio0.c // daudio cpu dai J2 5

p—— sunxi-daudio0.h

SRR B TH, B K
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B

I—— sunxi-daudiodma0.c // daudio platform 3 5]
I—— sunxi-daudiodma0.h
L—— sunxi-snddaudio0.c // daudio machine B

2.5.4 Audiocodec

BRI

i # DAC

— OB 16bit,24bit K FE A E
— X # 8KHz~192KHz K # %

e 1% ADC

— X ¥ 16bit,24bit X E

— X ¥ 8KHz~48KHz X # %
o — BN H: — %k F LINEOUT % ) (LINEOUTP, LINEOUTN)
o —HBEAEAMA: MICI

e X ¥ [ AT playback 7 record(2 W T R)
e ¥ # ADC #1 AGC,DRC 7 ¢¢
e ¥ # DAC #1 DRC Tk

2.5.4.1 AR E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
<*> Audiocodec for the SUNXI chips
<*> Audiocodec Machine for codec chips
<*> Audiocodec for the SUNSIWS chips

SRR B TH, B K 29
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2.5.4.2 sys_config ft. &

[audio0]
headphone vol = 0x3b
lineout_vol = 0xla

audio_pa_active level =1
adcagc used =0
adcdrc used =0
dacdrc_used =0
adchpf used =0
dachpf used =0

audio_pa_ctrl = port:PB05<1><default><default><0>

audio0 2 &

audio0.fit. & ¥, #H

headphone vol

lineout vol

audio_pa_ctrl
audio_pa_active level
adcagc used
adcdrc_used
dacdrc_used

adchpf used

dachpf used

headphone volume, ¥ 1% % 3t B 0~0x3f, 0 &~ mute, 1~63 &~
-62dB~0dB, 1dB/step

lineout volume, [ 3% % 3% F 0~0x1f, 0 . # 1 &£ &~ mute, 2~31 &~
-43.5dB~0dB, 1.5dB/step

PA £ REF|

1:high level active; 0:low level active

1:use adcagc 0:no use

l:use adedre 0:no use

1:use dacdrc 0:no use

l:use adchpf 0:no use

1:use dachpf 0:no use

SRR B TH, B K 30
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XS
2.5.4.3 codec ¥ 518 %
MICBIAS MICBIASEN
AN 2.5v
SYSTEM
MIC1P & @_}— BUS
g &> 4 cL
(M1
|
—@—b_
+—&> ADC_R
— M —» |
] M1 M][w]
DAC_L
y y
1+ < [Vt
r Y I—tﬂh—
%_w%
®
a
A 10: R11 58 &
A
DACL --> Left Output Mixer --> LINEOUTL
DACR --> Right Output Mixer --> LINEOUTR
xE
MICI1P --> LADC input Mixer --> ADCL
L o /e o
Lineout volume lineout ¥ £1X & 0--31, &K~ -43.5--0dB
ADC input gain control ADC ¥ i1 0--7, &7~ -4.5--6dB
LADC input Mixer MIC1 boost ~ LADC input Mixer % &, 1# & 0: XH; 1: FF B
Switch MIC & %
Left Output Mixer DACL Left Output Mixer % &, 1# & 0: xH; 1: FF B
Switch DACL # %
Left Output Mixer DACR Left Output Mixer % &, f# & 0: < ; 1: FF B
Switch DACR # %
A BRI H, BALR 31
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4R o /e M
Left Output Mixer Left Output Mixer X &, £ 8 0: xH; 1: FF B

MIC1Booststage Switch
MIC1 boost AMP gain control

MIC1_G boost stage output
mixer control

Right Output Mixer DACL
Switch

Right Output Mixer DACR
Switch

Right Output Mixer
MIC1Booststage Switch
SPK L Mux

SPK R Mux

digital volume

MIC1 # #%
MIC1 # 25

MIC1 to L or R output Mixer 3 i

Right Output Mixer % &, 1# g
DACL i %

Right Output Mixer 1% &, ##
DACR %

Right Output Mixer % &, 1# g8
MIC]1 i %

SPK L Mux % &

SPK R Mux # &

0--7, 0:0dB, 1~7:24--42dB,
3dB/step
0--7, &~ -4.5--6dB

0: XW; 1: Fr B

0: KAH; 1: FF B

0: X W; 1: Frje

0:MIXER L Switch; 1:MIXR
+MIXL

0:MIXER L Switch; 1:MIXR

+MIXL
0--63, %~ -73.08--0dB

B3 E

1. # ki B

3 if lineout & Ak :

amixer -D hw:audiocodec cset name='SPK_L Mux' 1

amixer -D hw:audiocodec cset name='SPK_R Mux' 1

amixer -D hw:audiocodec cset name='Right Output Mixer DACR Switch' 1
amixer -D hw:audiocodec cset name='Left Output Mixer DACL Switch' 1
amixer -D hw:audiocodec cset name='digital volume' O

SRR B TH, B K
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I MICLF
amixer -D hw:audiocodec cset name='"LADC input Mixer MIC1 boost Switch' 1
amixer -D hw:audiocodec cset name='"MIC1 boost AMP gain control' 4

2.5.5 Daudio

BRI

o — % 12S/PCM;

o XFEMER

e X ¥ Left-justified,Right-justified,Standar mode 12S,PCM mode
o I ¥ i2s,pem NG AT E

e 3 ¥ mono 1 stereo X, TEm L F2HEE

o U [ Bt palyback F# record(2 W L)

o X #F 8~192KHz X # %

o X 16,24,32bit KM E

2.5.5.1 HZIEE

Device Drivers ---> .
Q
<*> Sound card support ---> K
. QO
<*> Advaiiced Linux Sound Architecture --->
<*>CALSA for SoC audio Support --->
<*> SoC daudio0 tdm interface for SUNXI chips

<*> Daudio0 Public Machine for SUNXI chips

2.5.5.2 sys_config It &

SRR B TH, B K 33
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[tdmO]

daudio used =1
daudio_master =4
daudio_select =1
audio_format =1
signal_inversion = 1

pem_lrck period = 32
pem_lrckr period = 1
msb_Isb_first=0
sign_extend = 0
tx_data_ mode =0

rx_data_mode =0

i2s_doutl =
i2s dout2 =
i2s_dout3 =

sample resolution = 16
slot_width_select = 16

;128 mclk = port:PB08<2><1><default><default>
i2s_bclk = port:PG11<2><1><default><default>
i2s_lrclk = port:RG10<2><1><default><default>
i2s_dout0 = pert:PG12<2><1><default><default>

i2s_din = port:PG13<2><1><default><default>

tdmO #t. &

tdmO 2 & 1. B

daudio master

daudio_select

audio format

signal _inversion

1: SND _SOC_DAIFMT CBM CFM(codec clk & FRM master), Bl daudio £
E 1€ 4 slave, codec 1E A master 2: SND SOC DAIFMT CBS CFM(codec
clk slave & FRM master), — % 1~ A 3:

SND SOC DAIFMT CBM CFS(codec clk master & frame slave), — #& 1~
4: SND SOC DAIFMT CBS_CFS(codec clk & FRM slave), BF daudio # &
1€ A master, codec {E 4 slave

0: ' pcm mode; 1::i2s mode

1: SND_SOC_DAIFMT I2S(standard i2s format) 2:

SND_SOC DAIFMT RIGHT J(right justfied format) 3:

SND _SOC DAIFMT LEFT J(left justfied format) 4:

SND_SOC DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK rising
edge after LRC rising edge) 5: SND SOC _DAIFMT DSP_ B(pcm. MSB is
available on 1nd BCLK rising edge after LRC rising edge)

1: SND SOC DAIFMT NB NF(normal bit clock + frame) 2:

SND SOC_DAIFMT NB_IF(normal BCLK + inv FRM) 3:

SND SOC DAIFMT IB_NF(invert BCLK + nor FRM) 4:

SND SOC_DAIFMT IB_IF(invert BCLK + FRM)

SRR B TH, B K
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%

tdm0 2 & tdm0 #C & i A

sample_resolution K EEAE L, 16bit, 24bit,32bit

slot_width_select X ¥ 8bit, 16bit, 32bit 5. &

pem_Irck period F L E 16/32/64/128/256 /> belk

pem_Irckr period B L E 16/32/64/128/256 /> belk

msb_Isb_first 0: msb first; 1: Isb first

sign_extend 0: zero pending; 1: sign extend

tx_data mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
rx_data mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
i2s belk i2s belk 7|

i2s_lIrclk i2s_lrclk 7|

i2s_dout0 i2s_dout 5| f#

i2s_din i2s_din 5| i

2.5.6 7 2 F MK 77 %

ZEVTEENBESZE LHTER, FTFEHN A &4

2.5.6.1 ¥k

Q
amixer -D hw: audlocodec cset name= SP@\L Mux' 1
amixer -D hw@dlocodec cset name=SPK R Mux' 1
amixer -D hw:audiocodec cset name='Lineout volume' 24
amixer -D hw:audiocodec cset name='Right Output Mixer DACR Switch' 1
amixer -D hw:audiocodec cset name='Left Output Mixer DACL Switch' 1
amixer -D hw:audiocodec cset name='digital volume' 0

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

EEEAR RS TSN 2

amixer -Dhw:audiocodec cset name='Lineout volume' 50

X RBRTH, BALT
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2.5.62 &

%7~ T # JH audiocodec #t 4T # = 1 &

amixer -D hw:audiocodec cset name='"LADC input Mixer MIC1 boost Switch' 1
amixer -D hw:audiocodec cset name='"MIC1 boost AMP gain control' 4

arecord -Dhw:audiocodec -f S16_LE -r 16000 -c 1 /tmp/test.wav

2.6 R16 THiE O

2.6.1 B 1F AR

R16 @4 3 MNEMESR, 272 W E audiocodec,i2s0 DL & i2s].

T 1 1

Codec& [2S0 [2S1
Mic External External
Speaker Codec Codec

Kl 11: R16 & S AE 1+ 4E [

X RBRTH, BALT
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2.6.2 B4 B

R16 %, 3 A~F M4 sk 0y B 48 JR 34 & & pll_audio
pll_audio F] DA% 24.576M B # 22.5792M By AT 48, 77| HFF 48k £ %, 441k ZH|EH K F .

pll_audio

v v v

codec clock 12s0 clock 12s1 clock
audiocodec daudioO daudiol

B 12: R16 B 48

2.6.3 R ALLE #y

linux-3.4/sound/soc/sunxi/

F—— audiocodec

| b sun8iw5_machine.c // codec machine3% 5
| |—— sun8iw5_sndcodec.c // codec Jr 51

| |—— sun8iw5_sndcodec.h

| | sunxi_codecdma.c // codec platform®

| |—— sunxi_codecdma.h

| L—— sunxi_codec.c // cpu daiBi 5

F—i2s0

| F——sndi2s0.c //i2s codec B3

SRR B TH, B K 37
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| F—— sunxi-i2s0dma.c // i2s platform 3 5

| I—— sunxi-i2s0dma.h

| b sunxi-i2s0.c //i2s cpu dai¥B 5

| I—— sunxi-i2s0.h
| L—— sunxi-sndi2s0.c // i2s machine i 5/
L—i2s1
p——sndi2s1.c //i2s codec B3}
b—— sunxi-i2s1dma.c // i2s platform 3R 5l
|—— sunxi-i2s1dma.h

b—— sunxi-i2s1.c /i2s cpu daiBR 5

p—— sunxi-i2s1.h

L—— sunxi-sndi2sl.c // i2s machine 3% 7]

2.6.4 Audiocodec

C e

# % DAC

— X FF 16bit,24bit K EEHE E
— X #F 8KHz~192KHz K # %

i # ADC

— X # 16bit,24bit R AEAE E
— X ¥ 8KHz~48KHz % # %

P B U

— —# 1 1K & headphone ¥ 4/ (HPOUTL,HPOUTR)
— — Bk F phoneout #i f (PHONEOUTP,PHONEOUTN)

WY B B AE WL A\ . MIC1,MIC2,linein,phonein
e 3 #F headphone k3
e X ¥ [ At playback 7 record(2 W T R)

2.6.4.1 HEZIEE

SRR B TH, B K
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Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
<*> Audiocodec for the SUNXI chips
<*> Audiocodec Machine for sun8iw5 chips
<*> Audiocodec for the SUNSIWS chips

2.6.4.2 sys_config fit. &

[audio0]

audio_used =1

headphone vol = 0x3b

pa_double used =1

headphone direct used =1

headset mic_vol =3

main_mic_vol =1

;audio_linein_detect = port:PB07<0><default><default><0>
audio_pa_ctrl = port:PD11<I1><default><default><0>
pa_gpio_reverse = 0

aif2 used =0

aif3 used =0

headphone mute used =0

aifl_Irlk_div = 0x40

audio0 L & audio0 . & 1t B4

audio0 & % 1# | audiocodec I zl, 0: AEH s 1: A

headphone:vol headphone volume, F3% & 3% F 0~0x3f, 0 & 7~ mute, 1~63 &~
-62dB~0dB, 1dB/step

pa_double used 7= & B i E A A~ DAC, 0: ~MEA; 1: A

headphone_direct used #& % ## i headphone #irit, 0: TFHA; 1: A

main_mic_vol MIC1 BRiA#E %1, 0--7, 0:0dB, 1~7:24--42dB,3dB/step

headset_mic_vol MIC2 2R\ #E %1, 0--7, 0:0dB, 1~7:24--42dB,3dB/step

audio_pa_ctrl PA £ 88 5| Fi

pa_gpio_reverse PA £ 8t 5| B & & B8], 0: IE %, B high level active; 1: i, B} low
level active

aifl_Irlk_div aifl & Irck 291 2 %

X RBRTH, BALT
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2.6.4.3 codec #5 1B %

;;;;;;

ffffffff

[ T": TR SRCe=a % NO SRC

=l
L

&l 13: R16 & #7118 &

i 3t HPOUTL/R# 1

AIF1DACL --> AIF1INOL Mux --> DACL Mixer --> Left Output Mixer --> HP_L Mux --> HPOUTL
AIF1IDACR --> AIF1INOR Mux --> DACR Mixer --> Right Output Mixer --> HP_R Mux --> HPOUTR

T MIC1F % Q

AIF1ADCL <--\\'\AIF10UTOL Mux <-- ATéZl)\ ADOL Mixer <-- ADCL Mux <-- LEFT.ADC input Mixer <-- MI€1 PGA <-- MIC1P/N
S
Q
R16 f8 REZ= a0 T %
LR o &E. HE
Headphone Switch Headphone 3 % {# f 0: ;1. T B
ADC input gain ADC 3 35 0--7, &%~ -4.5--6dB
ADC volume ADCL/ADCR ¥ &% & 0--0xff, 0 % 7~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, 4r 0xA0
#%7~ 0dB
A BRI H, BALR 40
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T4 o /¢ HME
ADCL Mux ADCL Mux % &, R X # 0:ADC

0:ADC
ADCR Mux ADCR Mux 1% &, R X # 0:ADC

0:ADC
AIF1 ADOL Mixer AIF1 ADOL Mixer % &, £ 0: X[; 1: B
ADCL Switch f ADCL i %
AIF1 ADOL Mixer AIF1 ADOL Mixer % &, £ 0: xF;1: FF B
AIF1 DAOL Switch & AIF1 DAOL # %
AIF1 ADOL Mixer AIF1 ADOL Mixer % &, £ 0: X{; 1: T8
AIF2 DACL Switch &t AIF2 DACL &8
AIF1 ADOL Mixer AIF1 ADOL Mixer % &, £ 0: X H; 1: 7R
AIF2 DACR Switch & AIF2 DACR # %
AIF1 ADOR Mixer AIF1 ADOR Mixer &, £ 0: X/; 1: T )8
ADCR Switch & ADCR i %
AIF1 ADOR Mixer AIF1 ADOR Mixer % &, & 0: AW, 1: &
AIF1 DAOR Switch & AIF1 DAOR i %
AIF1 ADOR Mixer AIF1 ADOR Mixer &, £ 0: X[; 1: )3
AIF2 DACL Switch & AIF2 DACL i# %
AIF1 ADOR Mixer AIF1 ADOR Mixer X &, # 0: KXH;1: 7B
AIF2 DACR Switch &t AIF2 DACR i %
AIF1 ADIL Mixer AIF1 ADIL Mixer &, # 0: xW;1: FF B
ADCL Switch §t ADCL 3 %
AIF1 ADI1L Mixer AIF1 ADIL Mixer % &, £ 0% H; 1: B
AIF2 DAGL Switch & AIF2 DACL i B
AIF1 ADIR Mixer AIF1 ADIR Mixer % &, £ 0: xHW;1: T &
ADCR Switch # ADCR i %
AIF1 ADIR Mixer AIF1 ADIR Mixer ¥ &, £ 0: X[; 1: 7B
AIF2 DACR Switch & AIF2 DACR i %
AIF1 ADC timeslot 0 AIF1 ADCOL/ADCOR 0:0dB; 1:-6dB; %t T ADCOL Mixer,
mixer gain Mixer, %5 7 3% i bit0:AIF2 DACR; bitl1:ADCL; bit2: AIF2

DACL; bit3:AIF2 DAOL; *f T ADCOR
Mixer, bit0:AIF2 DACL; bitl:ADCR;
bit2:AIF2 DACR; bit3:AIF2 DAOR;

X RBRTH, BALT
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B AR

71 &k

H

AIF1 ADC timeslot 0

volume

AIF1 ADC timeslot 1

mixer gain

AIF1 ADC timeslot 1

volume

AIF1 DAC timeslot 0

volume

AIF1 DAC timeslot 1

volume

AIF1INOL Mux

AIF1INOR Mux

AIF1INIL Mux

AIFIINIR Mux

AIFIOUTOL Mux

AIFIOUTOR Mux

AIF1 ADCOL/ADCOR & &
®E

AIF1 ADCIL/ADCIR
Mixer, # F 3 i

AIF1 ADCIL/ADCIR & &
wE

AIF1 DACOL/DACOR & &
KE

AIF1 DACIL/DACIR & &

WE

AIF1INOL Mux % &

AIF1INOR Mux % &

AIF1INIL Mux % &

AIF1INIR Mux 1% &

AIF1OUTOL Mux % &

AIF1IOUTOR Mux % &

0--0xff, 0 & 7~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, 41 0xA0
* 7~ 0dB

0:0dB; 1:-6dB; *f T ADCI1L Mixer,
bit0:ADCL; bitl:AIF2 DACL; *f T ADCIR
Mixer, bit0:ADCR; bitl:AIF2 DACR;
0--0xff, 0 % 7~ mute, 0x1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, %1 0xA0
%7~ 0dB

0<-0xff, 0 &~ mute, 0x 1~0xff F& '~
-119.25dB~71.25dB, 0.75dBi/step, 1 0xA0
* 7~ 0dB

0--0xff, 0 & 7~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, 4r 0xA0
%7~ 0dB

0:AIF1_DAOL; 1:AIF1_DAOR;
2:SUM_AIF1IDAOL AIF1DAOR;
3:AVE_AIFIDAOL AIFIDAOR
0:AIF1_DAOR; 1:AIF1_DAOL;
2:SUM_AIF1DAOL AIF1DAOR;
3:AVE_AIFIDAOL AIFIDAOR

0:AIF1 DAIL; 1:AIF1_DAIR;
2:SUM_AIF1DAIL AIF1DAIR;
3:AVE_AIFIDAI1L AIFIDAIR
0:AIF1_DAIR; 1:AIF1_DAIL;
2:SUM_AIF1DAIL AIFIDAIR;

3:AVE AIFIDAIL AIFIDAIR
0:AIF1_ADOL:; 1:AIF1_ADOR;
2:SUM_AIF1ADOL AIF1ADOR;
3:AVE_AIFIADOL AIF1ADOR

0:AIF1 _ADOR; 1:AIF1 _ADOL;
2:SUM_AIF1ADOL AIF1ADOR;
3:AVE_AIF1ADOL AIF1ADOR

SRR B TH, B K 42
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55

T4 o /¢ HME

AIF1OUTIL Mux AIFIOUTIL Mux % & 0:AIF1_ADIL; 1:AIF1_ADIR;
2:SUM_AIFIADIL AIFIADIR;
3:AVE_AIFIADIL AIFIADIR

AIF1OUTIR Mux AIF1IOUTIR Mux % & 0:AIF1_ADIR; 1:AIF1_ADIL;
2:SUM_AIFIADIL AIFIADIR;
3:AVE_AIF1ADIL AIF1ADIR

DAC mixer gain DAC mixer 3 #2 0:0dB; 1:-6dB; *f T DACL Mixer,
bit0:ADCL; bitl:AIF2 DACL; bit2:AIF1
DACIL; bit3:AIF1 DACOL; *fF DACR
Mixer, bit0:ADCR; bit1:AIF2 DACR;
bit2:AIF1 DACIR; bit3:AIE1 DACOR;

DAC volume DACL/DACR ¥ &% & 0--0xff, 0 & 7~ mute, 0x 1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, %1 0xA0
%%~ 0dB

DACL Mixer ADCL DACL Mixer % &, #fk 0: xW; 1: 7T B

Switch ADCL & %

DACL Mixer DACL Mixer % &, {# 8 0: %H; 1: FF 2

AIF1DAOL Switch AIF1DAOL # %

DACL Mixer DACL Mixer % &, f£& 0: XH; 1: 7F B

AIF1DAIL Switch AIFIDAIL # %

DACL Mixer DACL Mixer 1% &, f#& 0: XH; 1: FF 2

AIF2DACL Switch AIF2DACL i %

DACR Mixer ADCR DACR Mixer % &, {8k 0K M 1: F B

Switch ADCR 3 %

DACR Mixer DACR Mixer % &, fF 0: XH; 1: FF 2

AIF1DAOR Switch AIFIDAOR i %

DACR Mixer DACR Mixer % &, ff &k 0: XW; 1: I B

AIF1DAIR Switch AIFIDAIR i %

DACR Mixer DACR Mixer % &, fF 0: XH; 1: FF B

AIF2DACR Switch AIF2DACR i %

External Speaker f# #& Headphone LA % PA 0: X H; 1: T ;B

Switch

HP_L Mux HP L Mux X & 0:DACL ; 1:Left Output Mixer

HP R Mux HP R Mux % & 0:DACR ; 1:Right Output Mixer

A BB A, ZRLR 43

Copyright © 2019 Allwinner Technelogy. All rights reserved.



< Auwiner

e 25

4R o7 &E HE
LEFT ADC input Mixer LEFT ADC input Mixer %  0: % [; 1: FF &
Lout Mixer Switch &, 1#8F Lout Mixer i %
LEFT ADC input Mixer LEFT ADC input Mixer %  0: X i; 1: FF B
MIC1 boost Switch &, f£&k MICI @& %
LEFT ADC input Mixer LEFT ADC input Mixer %  0: % [; 1: FF &
MIC?2 boost Switch E, f£ek MIC2 & B
LEFT ADC input Mixer LEFT ADC input Mixer %  0: XK ; 1: 77 &
Rout Mixer Switch &, 18 Rout Mixer i #
Left Output Mixer Left Output Mixer &, £ 0: X W; 1: T /B
DACL Switch RE.DACL i 5%
Left Output Mixer Left Output Mixer X &, # . 0: x{; 1: /i 5
DACR Switch At DACR i %
Left Output Mixer Left Output Mixer &, £ 0: X W; 1: T B
MIC1Booststage & MIC1 i %
Switch
Left Output Mixer Left Output Mixer % &, & 0: Xi;1: B
MIC2Booststage . MIC2 i 5%
Switch
MIC1 boost amplifier MIC1 # 25 0--7, 0:0dB, 1~7:24--42dB,3dB/step
gain
MIC2 SRC MIC2 SRC % & 0:MIC3; 1:MIC2
MIC2 boost amplifier MIC2 # 27 0--7, 0:0dB, 1~7:24--42dB,3dB/step
gain
RIGHT ADC input RIGHT ADC input Mixer % - 0: % [; 1: F£E
Mixer &, 1# 8 Lout Mixer 1 %
Lout Mixer_ Switch
RIGHT ADC input RIGHT ADC input Mixer %  0: % {; 1: F &
Mixer MIC1 boost E, f£&k MICI & %
Switch
RIGHT ADC input RIGHT ADC input Mixer %  0: X ; 1: T B
Mixer MIC2 boost E, f£a MIC2 i B
Switch

A BRI H, BALR 44
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4R o7 &E HE

RIGHT ADC input RIGHT ADC input Mixer %  0: % H; 1: FF &
Mixer &, ¥ 88 Rout Mixer i #

Rout Mixer Switch

Right Output Mixer Right Output Mixer % &, 0: XM 1: FF B
DACL Switch 1# & DACL # %

Right Output Mixer Right Output Mixer % &, 0: X 1: FF B
DACR Switch f£ 8 DACR & %

Right Output Mixer Right Output Mixer % &, 0: XW; 1: FF B
MIC1Booststage £ 68 MIC1 # %

Switch

Right Output Mixer Right Output Mixer % &, 0: X W; 1: Fhl5
MIC2Booststage f# B MIC2 i %

Switch

digital volume

headphone volume

BYEERE

headphone & € 1% &

0--63, &7~ -73.08--0dB
0--63,0 % 7~ mute; 1~63 &~ -62dB--0dB

2.6.5 Daudio

AR

o T ¥ 12S/PCM;
o THEHEMMERN

e X FF Left-justified,Right-justified,Standar mode 12S,PCM mode
o ¥ Fi2s,pem BB AEE
e X ¥ mono 71 stereo X, F# 8 Wi H A0 2 EE M
o I #F[E| A palyback 7 record(2 N T R)
o T # 8~192KHz X%

o HF 16,24,32bit XA E

2.6.5.1 A EZIE

X RBRTH, BALT
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Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
<*> SoC i2s0 interface for SUNXI chips
<*>SoC 1251 interface for SUNXI chips

2.6.5.2 sys_config it &

i250,i2s1 WYL B 77 % & —FE i, Tl 44 1250

[i2s0] Q
il1s0 used =1

i2s0_channel =2

i2s0_master =4

i2s0_select =1

audio_format =1

signal_inversion = 1

over_sample_rate =512

sample_resolution = 16

word_select_size =32

pem_sync_period =256

msb_Isb_first=0

slot_index =0

slot width = 16

frame width =1

tx_data_mode = 1

rx_data_mode = 1

i2s0_mclk =

250 _belk = port: PB05<2><1><default>%dﬁault>
1280 _Irclk = pQ&PBO4<2><1><default><default>
i2s0_dout0 =($\6rt :PB06<2><1><default><default>
i2s0_doutl =

i2s0_dout2 =

i2s0_dout3 =

i2s0_din = port:PB07<2><1><default><default>

i2s0 it & i2s0 HZ & 1. BA

i2s0 used =G EA 2s Baho 0: FAERA; 1: FA

X RBRTH, BALT
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i2s0 it &

i2s0 it & it BA

12s0_master

audio format

signal inversion

over sample rate
sample resolution
word_select size
pcm_sync period
msb_Isb_first
slot_index

slot width

frame width
tx_data_mode
rx_data_mode
12s0_mclk
12s0_bclk

12s0 Irclk
12s0_dout0
12s0_din

1: SND SOC DAIFMT CBM_CFM(codec clk & FRM master), Ef
daudio # & 1E ¥ slave, codec 1€ % master 2:

SND SOC DAIFMT CBS CFM(codec clk slave & FRM master), —
# A F 3: SND_SOC_DAIFMT_CBM_CFS(codec clk master &
frame slave), —#% 1 4: SND _SOC_DAIFMT CBS_CFS(codec clk
& FRM slave), B daudio # I {E 7 master, codec 1E 7 slave

1: SND_SOC _DAIFMT I2S(standard i2s format) 2:

SND SOC DAIFMT RIGHT J(right justfied format) 3:

SND _SOC DAIFMT LEFT J(left justfied format) 4:

SND SOC:DAIFMT DSP A(pcm. MSB'is available on:2nd BCLK
rising edge after LRC rising edge) 5:

SND SOC DAIFMT DSP B(pcm. MSB is available on 1nd BCLK
rising edge after LRC rising edge)

1: SND SOC DAIFMT NB NF(normal bit clock + frame) 2:

SND SOC DAIFMT NB_IF(normal BCLK + inv FRM) 3:
SND_SOC DAIFMT IB NF(invert BCLK + nor FRM) 4:
SND_SOC DAIFMT IB _IF(invert BCLK + FRM)

L HF 12815/19215/25615/3841s/512£5/768fs

K 4% JZ, 16bit, 24bit,32bit

L # 16bits/20bits/24bits/32bits

16/32/64/128/256

: msb first; 1: Isb first

. 1st slot;d: 2nd slot; 2: 3th slot; 3:4th slot

: 8 clocks width; 16: 16 clocks width

: long frame sync; 1: short frame sync

: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law

: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law

i2s0 mclk 5| #

i2s0 belk 3 fi

i2s0 Irclk 5| i

i2s0_dout 5| f

i2s0 din 3| f#

S O O v O O
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2.6.6 17 5= F A 77 %

ZEWEENBERE LHATER, TFONR a4

2.6.6.1 ¥ %

i it speakerd® ik

amixer cset name='"AIF1INOL Mux' 'AIF1_DAOL';
amixer cset name='"AIF1INOR Mux' 'AIF1_DAOR';
amixer cset name="DACL Mixer AIF1DAOL, Switch' 1;
amixer cset name="DACR Mixer AIFIDAOR Switch' 1;
amixer cset name='"HP_L Mux' 'DACEHPL Switch';
amixer cset name="HP_R Mux' 'DACR HPR Switch';

amixer cset name='External Speaker Switch' 1;

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

mixer cset name='AIFI1INOL Mux' 'AIF1_DAOL';
amixer cset name='AIF1INOR Mux''AIF1_DAOR'";
amixer cset name='"DACL Mixer AIFIDAOL Switch' 1;
amixer cset name='DACR Mixer AIFIDAOR Switch' 1;
amixer cset name="HP_L Mux' 'DACL HPL Switch' ;
amixer cset name="HP R Mux' 'DACR HPR Switch';
amixer cset name='"Headphone Switch' 1;

aplay -Dhw:sndcodec /mnt/UDISK/1KHz 0dB_16000.wav

\ \@5
TELTFE 44 FEE NS S

amixer -Dhw:sndcodec cset name="headphone volume' 58

2.6.6.2 &

%7~ % Jf audiocodec #AT# = # F &

2 SRR, BNL R
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amixer cset name='"LEFT ADC input Mixer MIC1 boost Switch' 1
amixer cset name='"AIF1 ADOL Mixer ADCL Switch' 1

amixer cset name='AIFIOUTOL Mux' 'AIF1_ADOL'

amixer cset name='"MIC1 boost amplifier gain' 4

arecord -Dhw:sndcodec -f S16_LE -r 16000 -c 1 /tmp/test.wav

2.7RI8 EHiE O

2:7.1 A EIR

RI18 &4 4 NMEHAER,, 452K E audiocodec UL % daudio0,daudiol,daudio?

I

I

.

Codec Daudio0 Daudiol Daudio2
A
i I I "
Mic External External hdmi
Speaker Codec Codec only

2.7.2 B4R

Kl 14: R18 & ## 1+4E B

RIS %, 4 A F A3 p it 4083 % & pll_audio
pll_audio ¥ L% H 24.576M Bt 22.5792M Hy Bt 4F, 47| X FF 48k A7, 44.1k RIVNHE R TEF

SRR B TH, B K
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pll_audio
Y Y Y Y
codec clock i2s0 clock i2s1 clock i2s2 clock
Y Y Y Y
audiocodec daudic0 daudiol daudiol

K 15: R18 B44 IR

2.7.3 RAG 4

linux-4.4/sound/soc/sunxi/

F—— sun50iwl-codec.c // codec B 5

|—— sun50iw1-codec.h

F—— sun50iwl-sndcodec.c // codec machine 32 %)

|—— sunxi-inter-i2s.c // codec platform3F 5|

|—— sunxi-daudio.c // daudio platform™ /)

I—— sunxi-daudio.h

F—— sunxi-snddaudio.c // daudio machine 3 5/

|—— sunxi-snddaudio.h

F—— sunxi-pem.c 423 i X, &Tk&@latform?[d] HEDRHEXARE
|—— sunx1—p<§1

— sunx1£ﬁv func.c /3 A X o ?ﬁ%%/ﬂk?%ﬁ%ﬁ']% H
|—— sunxi_rw_func.h

F—— spdif-utils.c / spdif codec B 5/

F—— sunxi-sndspdif.c // spdif machine 3% 5

F—— sunxi-spdif.c // spdif platform 3 5

F—— sunxi-spdif.h

F—— sunxi-hdmi.c // hdmi codec 3 5/

L—— sunxi-sndhdmi.c // hdmi machine ™ 7

hdmi platform# Z! £ | #9 :Z sunxi-daudio.c

linux-4.4/sound/soc/soc-utils.c // snd-soc-dummmy ¥ 5, ¥ Fl T daudio codect !
linux-4.4/sound/soc/codecs/ac108.c // ac108 codec Ik 5]
linux-4.4/sound/soc/codecs/tas5731.c // tas573 13 F 3 # codec X 5

X RBRTH, BALT
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2.7.4 Audiocodec

B AR

# % DAC

— X ¥ 16bit,24bit FHEHE E
_ ¥ 8KHz~192KHz F £ %

% ADC

— X % 16bit,24bit R M E
— X # 8KHz~48KHz K # %

VT A 0L S o

— ¥ TR & earpiece # 1 (EAROUTP,EAROUTN)

— ¥ 31 fK % phoneout # 4/ (PHONEOUTP,PHONEOUTN)
— B 3L 4R & headphone % Hf (HPOUTL,HPOUTR)

— — B 7K lineout # 4 (LINEOUTL,LINEOUTR)

WY B B AE WL . MIC1,MIC2,linein,phonein
e ¥ ¥ headphone IX 7

o 3 FF earpiece Wz

o ¥ [ At playback 7 record(2 W T )

o X # i il T DAC # DRC 7§

o X i i F ADC #1 AGE,DRC 7

2.7.4.1 Az &

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->

SRR B TH, B K
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<*> Allwinner Sun50iw1 Codec Support

2.7.4.2 sys_config . &

[sndcodec]

sndcodec_used = 0x1

aif2fmt = 0x3

aif3fmt = 0x3

aif2master = 0x1

linein_detect = port;PH05<6><default><default><default>
hp detect case =0x1

0

72
7

[i2s]
i2s used = 0x1

[codec]

codec_used = 0x1
headphonevol = 0x38
spkervol = 0x1d
earpiecevol = Oxle
maingain = 0x4
headsetmicgain = 0x4
adcage cfg = 0x0
adcdrc_cfg = 0x0
adchpf cfg = 0x1
dacdre_cfg = 0x0
dachpf cfg=0x0
aif2config = 0x0
aif3config = 0x0
aifl_Irlk div = 0x40
aif2 Irlk div =\Qx40
paﬁsleepﬁtim\}: 0x0a
dac_digital vol =0x9898
gpio-spk =

%

sndcodec fit. &, EF machine IX 54 84 48 % it &

sndcodec fit. & sndcodec Bt & 1. BA

sndcodec_used #& % {# il sndcodec Wz, 0: MFEA; 1: FA
linein_detect linein & | 5| f40
hp detect case jack irq level, O:low; 1:high

X RBRTH, BALT
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codec iL &, BV & audiocodec W5 i AH X L &

codec fL & codec . & 1t BH

codec_used £ & E ] codec Wz, 0: FFEF; 1: fF/

headphonevol headphone volume, ¥ % 7 3 B 0~0x3f, 0 &~ mute, 1~63 & 7T -62dB~0dB,
1dB/step

spkervol spk(lineout) volume, ¥ 1% 7 & B 0~0x1f, 0 3. % 1 &7~ mute, 2~31 &~
-43.5dB~0dB, 1.5dB/step

earpiecevol earpiece volume, ¥ 1% & B 0~0x1f, 0 5 # 1 &~ mute, 2~31 &K~
-43.5dB~0dB, 1.5dB/step

maingain MIC1 ZkiA ¥ %5, 0--7, 0:0dB, 1~7:24--42dB,3dB/step

headsetmicgain MIC2 BRI\ #¥ %7, 0--7,0:0dB, 1~7:24--42dB,3dB/step

adcagc cfg &= & # A adcage. 0: 3 ; 1: A

adcdre_cfg A& & # A adedre. 0: &R 1: #FA

adchpf cfg A& &% | adchpf. 0: & Al; 1: f£ ]

dacdrc cfg & &% A dacdre. 0: & ; 1: £

dachpf cfg & & 1% | dachpf. 0: 73 Fl; 1: f&

aifl_Irlk div
pa_sleep time
dac_digital vol

gpio-spk

aifl B Irck 29 2 %%

£ 8E pa Z RIFAFEV AT IR, # L ms

DACL/DACR # F % & ,0--0xff, 0 % ’~ mute, 0x1~0xff & 7~ -119.25dB~71.25dB,
0.75dB/step, 71 0xA0 F& 7~ 0dB, 0x98 & 7~ -6dB

PA £ 8ET|

SRR B TH, B K 53
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2.7.4.3 codec # ¥ i ¥
APB. BB BT
e |
il MissiinG
2 il
i O o
U 'J;P 'Lp "MJ ﬁ | % NO SRC
F: W:‘:—:Ev}j_?‘_f_’_’_‘_% =SRC==2 B K
il N 45 .
o — = = . i %
] SR Iy S ‘ 3
=l T B,
e
&l 16: R18 & 47 4 i
i 3 HPOUTL/R#
AIFIDACL --> ATF1INOL Mux --> DACL Mixer --> HP_L Mux --> HPOUTL
AIFIDACR --> AIF1INOR Mux --> DACR Mixer --> HP_R Mux --> HPOUTR
HHMICL2F &
AIFIADCL <-- AIRTOUTOL Mux <-- AIE}' ADOL Mixer <-- ADCL Mux <-- LADC it Mixer <-- MIC1 PGA <-- MICIP/N
AIF1ADCR <sSATF10UTOR Mux <-ATF1 ADOR Mixer <:SADCR Mux <-- RADE input Mixer <-- MIGZPGA <-- MIC2P/N
RI8 A8 R &= 4 T %
1= 1 4 #K 7 &k e
Headphone Switch Headphone # % £ & 0: XW; 1: FF B
Linein_detect Switch Linein 4 | (& g 0: XW; 1: FT B
ADC input gain control ~ ADC #% 3¢ 0--7, &~ -4.5--6dB
ADC volume ADCL/ADCR &2 % & 0--0xff, 0 & 7~ mute, 0x1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, %1 0xA0
&% 0dB
2 SRR, BNL R 54
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s

T4 o /¢ HME
ADCL Mux ADCL Mux #% &, R X # 0:ADC

0:ADC
ADCR Mux ADCR Mux 1% &, R X # 0:ADC

0:ADC
AIF1 ADOL Mixer AIF1 ADOL Mixer % &, £ 0: XH; 1: B
ADCL Switch § ADCL & %
AIF1 ADOL Mixer AIF1  AIF1 ADOL Mixer W&, & 0: %x4; 1: 7T 2
DAOL Switch & AIF1 DAOL # %
AIF1 ADOL Mixer AIF2 AIF1 ADOL Mixer &, # 0: <H;1: 7T B
DACL Switch Bk“AIF2 DACL &
AIF1 ADOL Mixer AIF2 .~ AIF1 ADOL Mixer X &, . 0: X1;1: 2
DACR Switch & AIF2 DACR # %
AIF1 ADOR Mixer AIF1 ADOR Mixer % &, # 0: KXW 1: 7T B
ADCR Switch 8t ADCR i %
AIF1 ADOR Mixer AIF1 AIF1 ADOR Mixer % &, £ 0: %xM; 1: 7T B
DAOR Switch & AIF1 DAOR i %
AIF1 ADOR Mixer AIF2 AIF1 ADOR Mixer % &, # 0: %{; 1: FF 2
DACL Switch i AIF2 DACL i %
AIF1 ADOR Mixer AIF2  AIF1 ADOR Mixer % &, £ 0: X/;1: 7B
DACR Switch . AIF2 DACR i %
AIF1 ADIL Mixer AIF1 ADIL Mixer X &, & 0: x{; 1: FF B
ADCL Switch § ADCL 3 %
AIF1 ADIL Mixer AIF2 AIF1 ADIL Mixer W&, & 0 %WH;1: FF 2
DACL Switch 8¢ AIF2 DACL i B
AIF1 ADIR Mixer AIF1 ADIR Mixer X &, £ 0: xW; 1: T &
ADCR Switch § ADCR i %
AIF1 ADIR Mixer AIF2 AIF1 ADIR Mixer % &, # 0: xH; 1: FF B
DACR Switch & AIF2 DACR i %

AIF1 ADC timeslot 0

mixer gain

AIF1 ADCOL/ADCOR
Mixer, 2% 748 31

0:0dB; 1:-6dB; *f T ADCOL Mixer,
bit0:AIF2 DACR; bitl:ADCL; bit2:AIF2

DACL; bit3:AIF2 DAOL; *f T ADCOR
Mixer, bit0:AIF2 DACL; bit1:ADCR;
bit2:AIF2 DACR; bit3:AIF2 DAOR;

X RBRTH, BALT
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B AR

71 &k

%

AIF1 ADC timeslot 0

volume

AIF1 ADC timeslot 1

mixer gain

AIF1 ADC timeslot 1

volume

AIF1 DAC timeslot 0

volume

AIF1 DAC timeslot 1

volume

AIF1INOL Mux

AIF1INOR Mux

AIF1INIL Mux

AIF1INIR Mux

AIFIOUTOL Mux

AIFIOUTOR Mux

AIF1 ADCOL/ADCOR & &
®E

AIF1 ADCIL/ADCIR
Mixer, # F 3 &

AIF1 ADCIL/ADCIR & &
wE

AIF1 DACOL/DACOR & &
RE

AIF1 DACIL/DACIR & &

BE

AIF1INOL Mux % &

AIF1INOR Mux % &

AIFIINIL Mux 1% &

AIF1INIR Mux £ &

AIF1OUTOL Mux % &

AIF1IOUTOR Mux % &

0--0xff, 0 &~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, 41 0xA0
* 7~ 0dB

0:0dB; 1:-6dB; *f T ADCI1L Mixer,
bit0:ADCL; bitl:AIF2 DACL; *f T ADCIR
Mixer, bit0:ADCR; bitl:AIF2 DACR;
0--0xff, 0 & °~ mute, 0x1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, %1 0xA0
%7~ 0dB

0=-0xff, 0 & 7~ mute, 0x1~0xff. & '~
-119.25dB~71.25dB, 0.75dB/step, 41 0xAQ
* 7~ 0dB

0--0xff, 0 Z& 7~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, 4r 0xA0
%~ 0dB

0:AIF1_DAOL; 1:AIF1_DAOR;
2:SUM_AIF1DAOL AIF1DAOR;
3:AVE_AIFIDAOL AIFIDAOR
0:AIF1_DAOR; 1:AIF1_DAOL;
2:SUM_AIF1DAOL AIF1DAOR;
3:AVE_AIFIDAOL_ AIFIDAOR

0:AIF1 DAIL; 1:AIF1_DAIR;
2:SUM_AIF1DAIL AIF1DAIR;
3:AVE_AIFIDA1L AIFIDAIR
0:AIF1_DAIR; 1:AIF1_DAIL;
2:SUM_AIF1DAIL AIFIDAIR;

3:AVE AIFIDAIL AIFIDAIR
0:AIF1_ADOL; 1:AIF1_ADOR;
2:SUM_AIF1ADOL AIF1ADOR;
3:AVE_AIFIADOL AIF1ADOR

0:AIF1 _ADOR; 1:AIF1 ADOL;
2:SUM_AIF1ADOL AIF1ADOR;
3:AVE_AIF1ADOL AIF1ADOR

SRR B TH, B K 56
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55

T4 o /¢ HME

AIF1OUTIL Mux AIFIOUTIL Mux % & 0:AIF1_ADIL; 1:AIF1_ADIR;
2:SUM_AIFIADIL AIFIADIR;
3:AVE_AIFIADIL AIFIADIR

AIF1OUTIR Mux AIFIOUTIR Mux % & 0:AIF1_ADIR; 1:AIF1_ADIL;
2:SUM_AIFIADIL AIFIADIR;
3:AVE_AIF1ADIL AIF1ADIR

DAC mixer gain DAC mixer 3 i1 0:0dB; 1:-6dB; *f T DACL Mixer,
bit0:ADCL; bitl:AIF2 DACL; bit2:AIF1
DACIL; bit3:AIF1 DACOL; % F DACR
Mixer, bit0:ADCR; bit1:AIF2 DACR;
bit2:AIF1 DACIR; bit3:AIEI DACOR;

DAC volume DACL/DACR ¥ &% & 0--0xff, 0 & 7~ mute, 0x1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, %1 0xA0
%7K 0dB

DACL Mixer ADCL DACL Mixer % &, 18 0: XM 1: IF B

Switch ADCL & %

DACL Mixer DACL Mixer % &, {8 0: %H;1: FF 2

AIF1DAOL Switch AIF1DAOL 3# %

DACL Mixer DACL Mixer % &, 6k 0: XM 1: IF B

AIF1DAIL Switch AIFIDAIL # %

DACL Mixer DACL Mixer 1% &, f#& 0: XH; 1: FF 2

AIF2DACL Switch AIF2DACL i %

DACR Mixer ADCR DACR Mixer % &, {8k 0: X W; 1: IT B

Switch ADCR # %

DACR Mixer DACR Mixer % &, fF 0: X H; 1: Fr 2

AIF1DAOR Switch AIFIDAOR i %

DACR Mixer DACR Mixer £ &, 1## 0: XW; 1: T B

AIF1DAIR Switch AIF1DAIR i# %

DACR Mixer DACR Mixer % &, fF 0: X H; 1: FF 2

AIF2DACR Switch AIF2DACR i %

EAR Mux EAR Mux % & 0:DACR; 1:DACL; 2:Right Analog Mixer;

Earpiece Switch

External Speaker Switch

Earpiece i ¥ {# &

{# ¢ Headphone L % PA

3:Left Analog Mixer
0: KXW 1: JF B
0: XK 1: FF B

X RBRTH, BALT
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e 25

4R o7 &E HE
HP_L Mux HP L Mux % & 0:DACL ; 1:Left Output Mixer
HP_R Mux HP R Mux #% & 0:DACR ; 1:Right Output Mixer
LADC input Mixer LADC input Mixer X &, £ 0: Xi;1: F B
LINEINL £k LINEINL & %
LADC input Mixer LADC input Mixer X &, & 0: XW; 1: 7T /8
MIC]1 boost Switch Bt MIC1 & %
LADC input Mixer LADC input Mixer X &, £ 0: Xi;1: F B
MIC?2 boost Switch fE MIC2 i 5
LADC input Mixer LADC input Mixer X &, £ 0: X W; 1: T /&
1 output mixer;Switch g1 output mixers i %
LADC input Mixer LADC input Mixer % &, - 0: X H; 1: A5
r_output mixer Switch &6 r_output mixer # %
LINEINL/RtoL R
output mixer gain
Left Output Mixer Left Output Mixer X &, # 0: KXW, 1: T &
DACL Switch At DACL i %
Left Output Mixer Left Output Mixer 8 &, & 0: xW; 1: T &
DACR Switch ft DACR i B
Left Output Mixer Left Output Mixer X &, # 0: XH; 1: FF 2
LINEINL Switch f& LINEINL i %
Left Output Mixer Left Output Mixer % &, # 0: XF;1: FE
MIC1Booststage Switch & MIC1 & #
Left Output Mixer Left Output Mixer X &, # 0:xW; 1: T &
MIC2Booststage Switch & MIC2 i# #
MIC1 boost amplifier MIC1 # 31 0--7, 0:0dB, 1~7:24--42dB,3dB/step
gain
MIC1_G boost stage MIC1 to L or R output Mixer 0--7, &K -4.5--6dB
output mixer control ¥ 5
MIC2 BST stageto L R MIC2 to L or R output Mixer 0--7, &~ -4.5--6dB
outp mixer gain Wi
MIC2 SRC MIC2 SRC # & 0:MIC3; 1:MIC2
MIC2 boost AMP gain ~ MIC2 3 3% 0--7, 0:0dB, 1~7:24--42dB,3dB/step
control

A BRI H, BALR 58
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e 25
4R o7 &E HE
RADC input Mixer RADC input Mixer % &, & 0: xW; 1: 7T /B
LINEINR Switch At LINEINR 3 5
RADC input Mixer RADC input Mixer % &, £ 0: XF;1: F B
MIC1 boost Switch fE MIC1 i %
RADC input Mixer RADC input Mixer % &, £ 0: X W; 1: 7T /&
MIC2 boost Switch gt MIC2 i %
RADC input Mixer RADC input Mixer X &, £ 0: x[; 1: FF B
1 output mixer Switch &6 1 output mixer & %
RADC input Mixer RADC input Mixer % &, & 0: X W; 1: T /&
1_output Switch gt output mixers 1 %
Right Output Mixer Right Output Mixer % & , 0: X 1: B
DACL Switch % 8 DACL i %
Right Output Mixer Right Output Mixer 1% &, 0: xHl; 1: FF B
DACR Switch {# 8 DACR # %
Right Output Mixer Right Output Mixer % & , 0: xWA; 1: JF B
LINEINR Switch f# 48 LINEINR 1 %
Right Output Mixer Right Output Mixer % & , 0: XK 1: FF B
MIC1Booststage Switch ~ {# & MIC1 & %
Right Output Mixer Right Output Mixer 1% & , 0: XH; 1: FF B
MIC2Booststage Switch ~ f# § MIC2 & %
SPK_L Mux SPK L Mux ¥ & 0:MIXEL Switch; 1:MIXL MIXR Switch
SPK_R Mux SPK R Mux % & 0:MIXER Switch; 1:MIXR MIXL Switch

HEFTERE
earpiece H =X &
headphone & €% &

speaker(lineout) & €% &

0--63, & 7~ -73.08--0dB

0--31, &~ -43.5--0dB

0--63,0 & 7~ mute; 1~63 &~ -62dB--0dB
0--31, &~ -43.5--0dB

digital volume
earpiece velume
headphone volume

speaker volume

2.7.5 Daudio

C e

o — % I2S/PCM;

X RBRTH, BALT
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2751 AL E

FTHRHRENERX

¥ #F Left-justified,Right-justified,Standar mode 12S,PCM mode
X #F i2s,pem TS AL B

X ¥ [ Bt palyback 7 record(2 W T R,)

¥ 8~192KHz K # &

X 16,24,32bit K FEAF E

Device Drivers <>

<*> Sound card support ---> N
<*> Advanced Linux Sound Afrchitecture ---> Ny
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->

<*> Allwinner Digital Audio Support

2.7.5.2 sys_config it &

[snddaudio0]
snddaudio0_used =1

[daudio0]
daudio0_used = 1

pem_lIsb_first = 0x0
tx_data_mode = 0x0
rx_data_mode = 0x0
daudio_master = 0x04
audio_format = 0x01
signal_inversion = 0x01
frametype = 0x0
tdm_config = 0x01
clk_active = 0x0

pem_Irck period &0x60
pem_lrckr Je@% =0x01
slot width_select = 0x18

2
(0%
%,

snddaudio0 B2 &, Bl daudio0 machine 3X 5 i 46 % Bt &

X RBRTH, BALT
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snddaudio fit &

snddaudio fit. & i, FH

snddaudio0 used

& & 1# A snddaudio . 0: FEH; 1: #H

daudio0 B2 &, EF daudioO platform ZKX 5 &4 48 55 B2 &

daudio 2 &

daudio it & 1. BH

daudio0 used

daudio master

audio format

signal inversion

slot width_select
pcm_Irck period
msb_Isb_first
frametype
tdm_config
tx_data_mode
rx_data mode

& % {# | daudio 5, 0: AERA; 1: #H

1: SND SOC DAIFMT CBM_CFM(codec clk & FRM master), Ef
daudio # & 1E ¥ slave, codec 1€ % master 2:

SND SOC:DAIFMT_ CBS CFM(codec clk slave & FRM master), —
# 4 3: SND_SOC_DAIFMT_CBM: CFS(codec clk master &
frame slave), —#% 1 A 4: SND_SOC DAIFMT CBS CFS(codec clk
& FRM slave), B daudio # I {E 7 master, codec 1E 4 slave

1: SND_SOC _DAIFMT I2S(standard i2s format) 2:

SND SOC DAIFMT RIGHT J(right justfied format) 3:

SND _SOC DAIFMT LEFT J(left justfied format) 4:

SND SOC DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK
rising edge after LRC rising edge) 5:

SND SOC DAIFMT DSP B(pcm. MSB is available on 1nd BCLK
rising edge after LRC rising edge)

1: SND SOC DAIFMT NB NF(normal bit clock + frame) 2:

SND SOC DAIFMT NB_IF(normal BCLK + inv FRM) 3:
SND_SOC:DAIFMT _IB.NF(invert BCLK + nor FRM) 4:
SND_SOC DAIFMT __IB_IF(invert BCLK + FRM)

X # 8bit, 16bit, 32bit 7 &

— B E 16/32/64/128/256 4 belk

0: msb first; 1: Isb first

: short frame = 1 clock width; 1: long frame = 2 clock width

: pcm mode; 1: i12s mode

: 16bit linear PCM; 1: reserved;2: 8bit u-law;3: 8bit a-law

: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law

S O O O

£ K daudio 4 ¥ codec, XL F MM E, ¥ &% (2.7.7 44 codec:acl08) {4+ %% F 3 &

SRR B TH, B K 61
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TAS5731)

2.7.6 SPDIF

BRI

e ¥ ¥ S/PDIF_OUT

e ¥ mono F1 stereo 1 =,
o ki 3 ¥ 22.05khz, 24khz, 32khz, 44.1khz, 48khz, 88.2khz, 96khz, 176.4khz, 192khz X # £
o L 16bit,24bit K H 5 E

2.7.6.1 A&

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner SPDIF Support

2.7.6.2 sys_config It &

[spdif]

spdif used =0
[sndspdif]
sndspdif used =0

spdif BEL &, B platform IR 5 #y 46 % B &

spdif Bt & spdif B & 1t # |

spdif used =& ER spdif Bzho 0: AFER; 1 FA |

X RBRTH, BALT
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sndspdif Bt &, BEF machine I3/ 8448 K L &

sndspdif B2 & sndspdif B2 & 1%, BA
sndspdif used A& & {# ] sndspdif I zh. 0: F~EA; 1: #FA

e sys_config # T FEIE codec Wz1H K5 &

4 machine JR 5 X AL+ B A BZ B T "spdif-utils" 7E 4 codec WXz, AL % 4%

linux-4.4/sound/soc/sunxi/spdif-utils.c

0

2.7.7 5h4E codec:ac108

R18 #7 % tulip-noma #4E 7 MIC TR, &F Mk ACL08, & & & o 5k 4 @i

T %t R18 47 B & 1 A ac108 1E {5 # /)4

2771 AR E

Device Drivers +<> Q}\\
<*> Sound c&d support ---> $
<*> Advanced Linux Sound Afchitecture --->
<*> ALSA for SoC audio support --->

Allwinner SoC Audio support --->
<*> Allwinner Digital Audio Support
CODEC drivers --->
<*> Sunxi AC108 Codec

2.7.7.2 sys_config&dts It &

R18 i T twil 5% ac108, T i2s0 JH T & 5 2 & o £ tr

SRR B TH, B K 63
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twi T B E, I dts HATH &

twil: twi@0x01¢c2b000 {
status = "okay";
acl08@35¢
compatible = "Allwinnertech,MicArray 1";
debug mode = <0>;
pga_gain = <0x32>;
ref pga gain = <0x08>;
ref chip addr = <0x3b>;
ref channel num = <0x2>;
pa_double used = <0x1>;
codec_mic used = <0x0>;
gpio-power =<&r pioPL 12111 1>
twi_bus =<1>;
voltage{enable = "nocare";
power vol = <0x0>; &Q
slot_width = <0x18>; '
reg = <0x35>;
3
acl08@3b{
compatible = "Allwinnertech,MicArray 0";
reg = <0x3b>;
debug mode = <0>;
pga_gain = <0x32>;
ref pga gain = <0x08>;
ref chip_addr = <0x3b>;
ref channel num = <0x2>;
pa_double used = <0x1>;
codec_mic_used = <0x0>;
twi_bus = <1>;
voltage enable = "nocare";
gpio-power = <&r pioPL 12111 1>;
power_vol = <0x0>;
slot width = <0x18>; .
B ,\GQ:\\\
. -\ \
}’ 00\.\\

i2s #4 F ZBLE sys_config ML X dts

e sys config T EEW K 2s AR, FEMRYE acl08 spec #HATIHE, sdk Bk daudio0 B E ¥

IF %354T acl08

o dts 4 F EEE 4 F ASOC codec UL X codec-dai sy & #, 4m

X RBRTH, BALT
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snddaudioO:sound@! {
sunxi,snddaudio-codec = "ac108.1-0035";
sunxi,snddaudio-codec-dai = "ac108-pcm1";

}s

2.7.7.3 £ /F

#HAN ARG 5, #1144 cat /proc/asound/cards Zl H LR F ~1F R, WRAKXI acl08 X FE ~, #LH
EZEH I

ERFSREFTREES T LA TH O HTRE

arecord -Dhw:sndac10810035 -f S16_LE -r 16000 -c 8 /tmp/test.wav

2.7.8 SME$ F o A TASS5731

RI18 #7 £ tulip-noma #&-B T — b %% F 24 7k TAS5731

T X R18 4 B2 & {1 A tas5731 1E & 2/

2.7.8.1 AEZWE

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->

Allwinner SoC Audio support --->
<*> Allwinner Digital Audio Support
CODEC drivers --->
<*>TAS5731 PA

X RBRTH, BALT 65
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2.7.8.2 sys_config&dts it &

R18 # it twi0 = H BT K, T i2s1 AT F MK E 1%

twi BB &, Pl dts FHATHEL &

twi0: twi@0x01c2ac00 {

status = "okay";

tas5731-codec@1b{
compatible = "Allwinnertech,tas5731 PA";
tas5731 power=<&pioPH8 111 1>;
tas5731 reset=<&pioPB2111 1>;
amp_poweren =<&r pioPL7111 1>;
regulator .name = "vcc-amp";
reg = <0x1b>; &Q

i2s % Z B E sys config LAX dts

e sys config #H 4 FEHF K 2s H AKX, FEREAERUFHHH#ATIE, sdk Bk daudiol B E
"] IE #3247 tas5731

o dts T4 F EFEF F ASOC codec UL codec-dai Iz Hy 4 1, 4w

snddaudiol:sound@?2 {
sunxi,snddaudio~godec = "tas5731 —con’QO—OOlb”;

Q
sunxi,snddaudio-codec-dai = "tasS7Q©7audio”;
»

B8 N

2.7.8.3 1# A

R4 )G, @344 cat /proc/asound/cards 7| U E F FE K, R A tas5731 R FE F, W
A IE % IR 5

EESSRESMAS, THER TE44 T ER

SRR B TH, B K 66
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[ aplay -Dhw:sndtas573 1codec /mnt/UDISK/16000-stere-10s.wav

2.7.9 hdmi & i o

R18 1 F 1282 ¥ & S 4518 £ % 3| hdmi &3, £ H i2s2 4 2 82 A T hdmi

2.7.9.1 AR E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner HDMI Audio Support
<*> Allwinner Digital Audio Support

2.7.9.2 sys_config ft. &

[daudio2]

daudio2 used =1 &
. . Q

[sndhdmi] \\\ N

sndhdmi_used= 1

%

daudio2 B2 &, BN daudio2 platform IR 3 #y#H * BL &

daudio2 Bt & daudio? #t & 1. BH

daudio2_used & & A daudio2 Wz, 0: AFEA; 1: FA

sndhdmi Bt &, BN sndhdmi machine X 5/ i #H > it &

X RBRTH, BALT
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sndhdmi 2 & sndhdmi B2 & % BF

sndhdmi_used & % A sndhdmi Xz, 0: F~fEF; 1: FA

N

2.7.10 7 2 F N 77 ik

ZEFEENBEFRELHATER, XFRONK a4

2.7.10.1 # 3k

amixer -Dhw:audiocodec cset name="AIF1INOL Mux' 'AIF1_DAOL'
amixer -Dhw:audiocodec cset name='AIF1INOR Mux' 'AIF1_DAOR'
amixer -Dhw:audiocodec cset name="DACL Mixer AIFIDAOL Switch' 1
amixer -Dhw:audiocodec cset name='DACR Mixer AIFIDAOR Switch' 1
amixer -Dhw:audiocodec cset name="HP R Mux' 'DACR HPR Switch'
amixer -Dhw:audiocodec cset name="HP L Mux' 'DACL HPL Switch'
amixer -Dhw:audiocodec cset name="Headphone Switch' 1

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

AT AR TR L ENLT &

amixer -Dhw:audiocodec cset name="headphone volume' 60

\
&

27102 ¥ &

amixer -Dhw:audiocodec cset name='LADC input Mixer MIC1 boost Switch' 1
amixer -Dhw:audiocodec cset name="RADC input Mixer MIC2 boost Switch' 1
amixer -Dhw:audiocodec cset name='AIF1 ADOL Mixer ADCL Switch' 1
amixer -Dhw:audiocodec cset name='AIF1 ADOR Mixer ADCR Switch' 1
amixer -Dhw:audiocodec cset name='AIF1OUTOL Mux' 'AIF1_ADOL'

amixer -Dhw:audiocodec cset name='AIF1OUTOR Mux' 'AIF1_ADOR'

SRR B TH, B K
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l arecord -Dhw:audiocodec -f S16_LE -r 16000 -c 2 /tmp/test.wav

2.8 R30 i O

2.8.1 B {F HLIR

R30 &4 5 Mgk, 472K E audiocodec,daudio0,daudiol,daudio? YA % DMIC

Codec Daudio0 Daudiol Daudio? Dmic
A A A A A
Li Y L L L
Mic External External External Mic
Speaker Codec Codec Codec Array

&l 17: R30 & M % 1 4E B

2.8.2 B 48 B

R30 %, 54-F #4098 0 IR 34 & & pll_audio
pll_audio ¥ L% HH 24.576M B# 22.5792M By BT 4, 2 A X F 48k £ 7, 44.1k RPN HE KT F

SRR B TH, B K 69
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pll_audio

v v Y )

Y

codec_1x i2s0 clock i2s1 clock i2s2 clock dmic clock
clock
¥ v ] Y
audiocodec daudio0 i2s1 clock i2s2 clock dmic

& 18: R30 B 44 &

2.8.3 AL £ Ay

linux-4.9/sound/soc/sunxi/

I—— sun50iw3-codec.c // codec Ik 7

|—— sun50iw3-codec.h

|—— sun50iw3-sndcodec.c / codec machine ¥ z
F—— sunxi-inter-i2s.c // codec platform ¥ 3

|—— sunxi-inter-i2s.h

F—— sunxi-daudio.c // daudio platform™

I—— sunxi-daudio.h

F—— sunxi-dmic.c // dmic platform3 5

I-— sunxi-dmic.h

F—— sunxi-pem.c // 3 I X tE, # #E0E Mplatform BB HIH: 0 KA % @ %K %
|—— sunxi-pcm.h

F—— sunxi_rw_func.c /& X #F, BEEENEK T HF BHEY
|—— sunxi_rw_dfunc.h \\6%

F—— sunxi- \daudio.c // daudio machine3x

I—— sunxi-snddaudio.h

F—— sunxi-snddmic.c // dmic machine 32 5

L—— sunxi-snddmic.h

linux-4.9/sound/soc/codecs/dmic.c // dmic codec ¥k 5/
linux-4.9/sound/soc/soc-utils.c // daudio codec¥% 7

2.8.4 Audiocodec

BRI
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7 ¥ DAC

— U 16bit,24bit XK E
— X ¥ 8KHz~192KHz ¥ £ &

# % ADC

— X ¥ 16bit,24bit R A F
— X # 8KHz~48KHz X # %

VL A 0L S

— — ¥ TR & earpiece ¥ 1 (EAROUTP,EAROUTN)

— ¥ stk & phoneout ¥ 4 (PHONEOUTP,PHONEOUTN)
— ¥ L /& 7 headphone ¥ iy (HROUTL,HPOUTR)

— % L& F lineout % 4 (LINEOUTL,LINEOUTR)

Y B 25 AE WL A\ . MIC1,MIC2,linein,phonein
e 3 # headphone IX 7]

o 3 FF earpiece 7/

e X ¥ [ At playback 7 record(2 W T R)

o X #iE il T DAC # DRC 7 ¢

o X FiE T ADC # AGC,DRC 7

2.8.4.1 AL E

Device Drivers --->
<*> Soundcard support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner Sun50iw3 Codec Support

2.8.4.2 sys_config it &

SRR B TH, B K
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W
[sndcodec]
sndcodec used = 0x1
aif2fmt = 0x3
aif3fmt = 0x3
aif2master = 0x 1
hp detect _case = 0x0
iiZs]
i2s_used = 0x1
icodec]
codec_used = 0x1
headphonevol = 0x3b
spkervol = 0x1b
maingain = 0x4
headsetmicgain = 0x4
adcage cfg = 0x0:
adcdre_cfg =0x0
adchpf cfg = 0x0
dacdre_cfg = 0x0
dachpf cfg = 0x0
aif2config = 0x0
aif3config = 0x0
gpio-spk = port:PB3<1><default><default><0>
sndcodec BZ &, BN machine 3% 5 #y 48 < L. &
sndcodec FP & sndcodec Tt & % A
sndcodec_used #& % {# il sndcodec Wz, 0: MFEA; 1: A
aif2fmt 1: SND SOC DAIFMT I2S(standard i2s format) 2:
SND SOC DAIFMT _RIGHT J(rightjustfied format) 3:
SNDSOC DAIFMT LEFT J(leftjustfied format) 4:
SND SOC DAIFMT DSP A(pcm. MSB is available on 2nd BCLK rising edge
after LRC rising edge) 5: SND_SOC DAIFMT DSP B(pcm. MSB is available
on 1nd BCLK rising edge after LRC rising edge)
aif3fmt 1: SND SOC DAIFMT I2S(standard i2s format) 2:
SND SOC DAIFMT RIGHT J(right justfied format) 3:
SND SOC DAIFMT LEFT J(left justfied format) 4:
SND_SOC DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK rising edge
after LRC rising edge) 5: SND _SOC DAIFMT DSP B(pcm. MSB is available
on Ind BCLK rising edge after LRC rising edge)
X RBRTH, BALT 72
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sndcodec it &

sndcodec . & 1. BH

aif2master

hp detect case

1: SND SOC DAIFMT CBM_CFM(codec clk & FRM master), Bl aif # 0 £
master £ 3, 4: SND SOC_DAIFMT CBS CFS(codec clk & FRM slave), Bl aif
0 slave R,

jack irq level, O:low; 1:high

i2s B &, BN audiocodec platform Xz /48 < B2 B, A aif £ & A #9 i2s(5 i2s0,i2s1 £ E T %)

2s It &

i2s BL & 1

i2s used

= EE A2 Bsh, 0 SR EF; 1 FHF

codec L &, BF N & audiocodec IR 5 Hy AH % BL &

codec L & codec F2 & 1it. BH

codec_used £ & 1EF codec Mz, 0: FFEF; 1: &/

headphonevol #1461 headphone volume, ¥ 7 3t Bl 0~0x3f, &~ 0~-62dB, -1dB/step

spkervol 146 . speaker volume, ¥ 1% € & [ 0~0x1f, 0 B(# 1 &~ mute, 2~31 &~
-43.5dB~0dB, 1.5dB/step

headsetmicgain FeH & MIC2 #424, # #% < 36 B 0~0x7, 0:0dB, 1~7:15~33dB, 3dB/step, — & % &
0x4, B 24dB

adcinputgain adc ¥ 35, ¥ E W E 0~0x7, & & -4.5~6dB, 1.5dB/step, —#x % & 0x3, Ef 0dB

adcagc cfg A& & 1# Fleadcage. 0: & 1: A

adcdre cfg &£ & A adedre. 0: FREA; 1: £H

adchpf cfg & &% A adchpf. 0: T~ Fl; 1: f&

dacdrc cfg A& & # A dacdre. 0: MERA; 1: #FA

aif2config = T A aif2. 0: ~EF; 1 FE A

aif3config & & F A aif3. 0: NMEA; 1: #EA

gpio-spk PA L RET|
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2.8.4.3 codec #5 £ i B
xnmﬂu‘n |
DReg2CCT11:10]
e et
= ~ SPELN
P Areoniso]
ARea0] AR ORRI
M N ARema[30) Mg "Reenbl ﬁgpmmm—ﬂ
Qiczy Y ) MOKLMIRE
e |y g et
e Y L
ARez08[7] J
e
m@ ‘% ARez0A[0] AReg00{6:0]
DACT "“‘!5’3{% HPOUTL
T : 0 Agem0iss
ARes1F[6.4]
ARep07[2:0]
pr e
Areg: analog register
Dreg: digital register
A 19: R30 & 7 4 B
i ¥ SPKL/R#E
AIF1DACL --> AIF1INOL Mux --> DACL Mixer --> Left Output Mixer --> SPK_L Mux --> SPKL
AIF1DACR --> AIF1INOR Mux --> DACR - Mlxer --> Right Output Mixer --> SPK_R Mux --> SPKR
6%
% 1 LINEOURVR # %
AIFIDACL &> AIF1INOL Mux > DACL Mixer > Left Output Mixer --> LINEOUTL Mux --> LINEOUTL
AIF1DACR --> AIF1INOR Mux --> DACR Mixer --> Right Output Mixer --> LINEOUTR Mux --> LINEOUTR
i i HPOUTL/R#&
AIF1DACL --> AIFI1INOL Mux --> DACL Mixer --> HP_L Mux --> HPOUTL
AIF1DACR --> AIF1INOR Mux --> DACR Mixer --> HP_R Mux --> HPOUTR
# I MIC1 25 &
AIF1ADCL <-- AIF1OUTOL Mux <-- AIF1 ADOL Mixer <-- LADC input Mixer <-- MIC1 PGA <-- MIC1P/N
AIF1ADCR <-- AIFIOUTOR Mux <-- AIF1 ADOR Mixer <-- RADC input Mixer <-- MIC2 PGA <-- MIC2P/N
i I LINEINL/R 3% &
AIF1ADCL <-- AIFIOUTOL Mux <-- AIF1 ADOL Mixer <-- LADC input Mixer <-- LINEINN
A BRI H, BALR 74
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l AIF1ADCR <-- AIF1OUTOR Mux <-- AIF1 ADOR Mixer <-- RADC input Mixer <-- LINEINP
R30 48 % % 40 T & :
AR o /¢ O
Headphone Switch Headphone # - {# & 0: XH; 1: FF B
Lineout Switch Lineout i % 1# & 0: <H;1: FF B
ADC input gain control ~ ADC 3% & 0--7, &7~ -4.5--6dB
ADC volume ADCL/ADCR ¥ % & 0--0xff, 0 %~ mute, 0x 1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, %r 0xA0
%K 0dB
AIF1 ADOL Mixer AIF1 ADOL Mixer &, # 0: xW;1: 7T &
ADCL Switch ft ADCL i %
AIF1 ADOL Mixer AIF1  AIF1 ADOL Mixer X &, & 0: %#1;1: T B
DAOL Switch & AIF1 DAOL # %
AIF1 ADOL Mixer AIF2 AIF1 ADOL Mixer W&, & 0: %X1; 1: 7T 2
DACL Switch & AIF2 DACL i %
AIF1 ADOL Mixer AIF2 AIF1 ADOL Mixer % &, # 0: %<H; 1: 7T B
DACR Switch &t AIF2 DACR # %
AIF1 ADOR Mixer AIF1 ADOR Mixer X &, £ 0: XH; 1: FF 2
ADCR Switch & ADCR & %
AIF1 ADOR Mixer AIF1 AIF1 ADOR Mixer % &, £ 0: %<H; 1: 7T B
DAOR Switch § AIF1 DAOR i %
AIF1 ADOR:Mixer AIF2 AIF1 ADOR Mixer % &, # 0: xH; 1: FTB
DACL Switch & AIF2 DACL i %
AIF1 ADOR Mixer AIF2 AIF1 ADOR Mixer % &, # 0: %{; 1: FF B
DACR Switch & AIF2 DACR i %
AIF1 ADIL Mixer AIF1 ADIL Mixer &, & 0: XH; 1: FF B
ADCL Switch & ADCL # %
AIF1 ADIL Mixer AIF2  AIF1 ADIL Mixer % &, £ 0: %{; 1: FF B
DACL Switch # AIF2 DACL i %
AIF1 ADIR Mixer AIF1 ADIR Mixer ¥ &, £ 0: X{; 1: 7B
ADCR Switch & ADCR i %
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L5
1 4 R Ih Bk ¥ 1E
AIF1 ADIR Mixer AIF2 AIF1 ADIR Mixer &, # 0: *H;1: 2
DACR Switch & AIF2 DACR i %

AIF1 ADC timeslot 0

mixer gain

AIF1 ADC timeslot 0

volume

AIF1 ADC:timeslot 1

mixer gain

AIF1 ADC timeslot 1

volume

AIF1 DAC timeslot 0

volume

AIF1 DAC timeslot 1

volume

AIF1INOL Mux

AIF1INOR Mux

AIF1INIL Mux

AIF1INIR Mux

AIF1 ADCOL/ADCOR
Mixer, % 7 ¥ 31

AIF1 ADCOL/ADCOR & &
wE

AIF1 ADCIL/ADCIR
Mixer, 2 F 3% 21

AIF1 ADCIL/ADCIR & &
KE

AIF1 DACOL/DACOR & &
wE

AIF1 DACIL/DACIR & &

wWE

AIF1INOL Mux & &

AIF1INOR Mux % &

AIF1INIL Mux % &

AIFI1INIR Mux % &

0:0dB; 1:-6dB; *f T~ ADCOL Mixer,
bit0:AIF2 DACR; bitl1:ADCL; bit2: AIF2
DACL; bit3:AIF2 DAOL; %+ ADCOR
Mixer, bit0:AIF2 DACL; bitl:ADCR;
bit2:AIF2 DACR; bit3:AIF2 DAOR;
0--0xff, 0 & 7~ mute, 0x 1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, #r 0xA0
#1~ 0dB

0:0dB; 1:-6dB; xf T ADC1L Mixer,
bit0:ADCL; bitl:AIF2 DACL; % T ADCIR
Mixer, bit0:ADCR; bit1:AIF2 DACR;
0--0xff, 0 & 7~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, 41 0xA0
&7~ 0dB

0--0xff, 0 & 7~ mute, 0x1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, %r 0xA0
%7~ 0dB

0--0xff, 0 & °~ mute, 0x1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, % 0xA0
&% 0dB

0:AIF1 DAOL; 1:AIF1_DAOR;
2:SUM_AIEIDAOL AIF1DAOR;
3:AVE_AIFIDAOL AIF1DAOR
0:AIF1_DAOR; 1:AIF1_DAOL;
2:SUM_AIFIDAOL AIFIDAOR;

3:AVE AIFIDAOL AIF1DAOR
0:AIF1_DAIL; 1:AIF1_DAIR;
2:SUM_AIFIDAIL AIF1DAIR;

3:AVE AIFIDAIL AIF1DAIR

0:AIF1 DAIR; 1:AIF1 DAIL;
2:SUM_AIFIDAIL AIF1DAIR;

3:AVE AIFIDAIL AIF1DAI1R
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T4 o /¢ HME

AIF1OUTOL Mux AIF1IOUTOL Mux % & 0:AIF1_ADOL; 1:AIF1_ADOR;
2:SUM_AIFIADOL AIF1ADOR;
3:AVE_AIF1IADOL AIF1ADOR

AIF1IOUTOR Mux AIF1IOUTOR Mux % & 0:AIF1_ADOR; 1:AIF1_ADOL;
2:SUM_AIFIADOL AIFIADOR;
3:AVE_AIF1ADOL AIF1ADOR

AIF1OUTIL Mux AIF1OUTIL Mux #% & 0:AIF1_ADIL; 1:AIF1_ADIR;
2:SUM_AIF1ADIL AIF1ADIR;
3:AVE_AIF1ADIL AIF1ADIR

AIF10OUTI1R Mux AIF1OUTIR Mux % & 0;AIF1_ADIR; 1:AIF1 ADIL;
2:SUM_AIEIADIL AIFIADIR;
3:AVE_AIFIADIL AIFIADIR

DAC mixer gain DAC mixer ¥ #7 0:0dB; 1:-6dB; *f T DACL Mixer,
bit0:ADCL; bitl:AIF2 DACL; bit2:AIF1
DACIL; bit3:AIF1 DACOL; *f F DACR
Mixer, bit0:ADCR; bitl:AIF2 DACR;
bit2:AIF1 DACIR; bit3:AIF1 DACOR;

DAC volume DACL/DACR &% & 0--0xff, 0 & 7~ mute, 0x1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, 41 0xA0
* 7~ 0dB

DACL Mixer ADCL DACL Mixer % &, f# ¢t 0: XH; 1: FF 2

Switch ADCL i# %

DACL Mixer DACL Mixer % &, 1£#E 0: X W; 1: IT B

AIF1DAOL Switch AIF1DAOL %

DACL Mixer DACL Mixer % &, f#& 0: X H; 1: Fr 2

AIF1DAI1L Switch AIFIDAIL # %

DACL Mixer DACL Mixer % &, f£ & 0: XW; 1: T B

AIF2DACL Switch AIF2DACL i %

DACR Mixer ADCR DACR Mixer % &, f# & 0: xHl; 1: 7T B

Switch ADCR i %

DACR Mixer DACR Mixer % &, f# &k 0: XW; 1: T B

AIFIDAOR Switch AIF1DAOR i %

DACR Mixer DACR Mixer % &, & 0: KXW 1: Ir B

AIFIDAIR Switch AIFIDAIR i %
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b 25
51 4 1 I g ¥ 1E
DACR Mixer DACR Mixer X &, ¢k 0: xHl; 1: FF B
AIF2DACR Switch AIF2DACR i %
External Speaker Switch % 8 Headphone UL % PA 0: XW; 1: FF B

HP L Mux

HP_ R Mux

LADC input Mixer
LINEINL

LADC input Mixer
MICI1 boost Switch
LADC input Mixer
MIC2 boost Switch
LADC input Mixer

1 _output mixer Switch
LADC input Mixer
r_output mixer Switch
LINEINL/R to L R
output mixer gain
LINEOUTL Mux
LINEOUTR Mux

Left Output Mixer
DACL Switch

Left Output Mixer
DACR Switch

Left Output Mixer
LINEINL Switch

Left Output Mixer
MIC1Booststage Switch
Left Output Mixer
MIC2Booststage Switch
MIC1 boost AMP gain
control

MIC1_G boost stage

output mixer control

HP L Mux % &
HP R Mux # &

LADC input Mixer % &, f#
f& LINEINL i %

LADC input Mixer X &, £
it MICI1 & %

LADC input Mixer X &, £
AE MIC2 i %

LADC input Mixer X &, £
g€ 1 output mixer 1 %
LADC input Mixer X &, £
gt r_output mixer i %
LINEINL/R to L or R output
Mixer ¥ %

LINEOUTL Mux % &
LINEOUTR Mux % &

Left Output Mixer % &, 1#
#t DACL & %

Left Output Mixer % &, £
A DACR 3

Left Output Mixer W &, 1F
fE LINEINL & %

Left Output Mixer % &, &
ft MICI1 & %

Left Output Mixer W &, 1#

B8 MIC2 3 ¥
MIC1 # 25

MICI to L or R output Mixer

3

0:DACL ; 1:Left Output Mixer
0:DACR ; 1:Right Output Mixer
0: XW; 1: FF B

0: XW; 1: FF B

0 <M 1: FF B

0: XH; 1: FF B

0: X H; 1: JF B

0--7, &1 -4.5--6dB

0:left output mixer; 1:left+right output mixer
0:right output mixer; 1:left+right output mixer

0: X H; 1: -8
0: xW; 1: FF B
0: XW; 1: BB
0: XH; 1: FF B
0: XW; 1: FF B
0--7, 0:0dB, 1~7:24--42dB,3dB/step

0--7, &~ -4.5--6dB

SRR B TH, B K 78
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e 25

4R o7 &E HE
MIC2 BST stageto L R MIC2 to L or R output Mixer 0--7, &7~ -4.5--6dB
outp mixer gain #2
MIC2 SRC MIC2 SRC % & 0:MIC3; 1:MIC2
MIC2 boost AMP gain ~ MIC2 # # 0--7, 0:0dB, 1~7:24--42dB,3dB/step
control
RADC input Mixer RADC input Mixer % &, £ 0: XHW; 1: T &
LINEINR Switch At LINEINR 3 5
RADC input Mixer RADC input Mixer % &, £ 0: X;1: F B
MIC1 boost Switch fE MIC1 &
RADC input Mixer RADC input Mixer % &, & 07 xW; 1: 7T /&
MIC?2 boost Switch it MIC2 3# %
RADC input Mixer RADC input Mixer % &, £ 0: X;1: B
1_output mixer Switch &€ 1_output mixer i# %
RADC input Mixer RADC input Mixer % &, & 0: XM, 1: 7T /8
1_output Switch g€ 1_output mixer i £
Right Output Mixer Right Output Mixer % &, 0: XH; 1: FF B
DACL Switch f# 8 DACL i %
Right Output Mixer Right Output Mixer 1% & , 0: X H; 1: Jr )8
DACR Switch {# # DACR & %
Right Output Mixer Right Output Mixer 1% & , 0: XK 1: FF B
LINEINR Switch {# & LINEINR i %
Right Output Mixer Right Output Mixer 1% &, 0: X H; 1: Jr 8
MIC1Booststage Switch & MIC1 & %
Right Output Mixer Right Output Mixer % & , 0: xH; 1: Fb)8
MIC2Booststage Switch £ & MIC2 i %
SPK_L Mux SPK L Mux % & 0:MIXEL Switch; 1:MIXL MIXR Switch
SPK_R Mux SPK R Mux % & 0:MIXER Switch; 1:MIXR MIXL Switch
digital volume HFEERE 0--63, &7~ -73.08--0dB
headphone volume headphone & £1% & 0--63,0 &7~ mute; 1~63 &~ -62dB--0dB
lineout volume lineout ¥ 81X & 0--31, &7~ -43.5--0dB
speaker volume speaker(lineout) & € % & 0--31, &7~ -43.5--0dB
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%

2.8.5 Daudio
FE 145

e — % I2S/PCM;

o T FEMER

e X FF Left-justified,Right-justified,Standar mode 12S,PCM mode
o I ¥ i2s,pem NG AT E

o ¥ [ At palyback F7 record(2 W LX)

o X 8~192KHz R H# %

o X HF 16,24,32bit REEAEE

2.8.5.1 A ZIEE

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner Digital Audio Support

2.8.5.2 sys_config I &

[snddaudio0]
snddaudio0_used = 1

[daudio0]

pem_lIrck period = 0x80
slot width_select = 0x20
pem_Isb_first = 0x0
tx_data_mode = 0x0
rx_data_mode = 0x0
daudio_master = 0x04

X RBRTH, BALT
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audio_format = 0x01
signal_inversion = 0x01
frametype = 0x0
tdm_config = 0x01
mclk div = 0x1
daudio0 used = 1

snddaudio0 2 &, EF daudio0 machine X 5 i 48 < it &

snddaudio i &

snddaudio fit & i #H

snddaudio0 used

#& % # | snddaudio Xz, 0: FEH; 1: FH

daudio0 B2 &, BN daudioO platform IR 5 B #8 < BL &

daudio T2 &

daudio Bt & . #H

daudio0 used

daudio_master

audio_format

signal inversion

slot width select
pem_Irck period

£ 1% Fl daudio Wz, 0: AR 1: A

1: SND_SOC_DAIFMT_CBM_CFM(codec clk & FRM master), BF
daudio # 1 1E # slave, codec 1E & master 2:

SND_SOC _DAIFMT CBS CFM(codec clk slave & FRM master), —
Al 3: SND SOC DAIFMT CBM_CFS(codec clk master &
frame slave), — #% A 4: SND _SOC DAIFMT CBS CFS(codec clk
& FRM slave), BF daudio # I 1€ 4 master, codec 1€ %7 slave

1: SND_SOC DAIFMT I2S(standard i2s format) 2:

SND SOC_DAIFMT RIGHT J(right justfied format) 3:

SND SOC DAIFMT LEFT J(left justfied format) 4:

SND_SOC DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK
rising edge after LRC rising edge) 5:

SND SOC DAIFMT DSP B(pcm. MSB is available on 1nd BCLK
rising edge after LRC rising edge)

1: SND SOC DAIFMT NB NF(normal bit clock + frame) 2:

SND SOC DAIFMT NB_IF(normal BCLK + inv FRM) 3:

SND SOC DAIFMT IB NF(invert BCLK + nor FRM) 4:

SND SOC DAIFMT IB IF(invert BCLK + FRM)

X # 8bit, 16bit, 32bit &

— AT B 16/32/64/128/256 4~ belk
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55
daudio 2 & daudio f2 & 1%, #H
msb_Isb_first 0: msb first; 1: Isb first
frametype 0: short frame = 1 clock width; 1: long frame = 2 clock width
tdm_config 0: pcm mode; 1: i2s mode
tx_data_mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
rx_data_mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
2.8.6 DMIC
B
o XF8HEMAN
o X ¥ 8~48KHz R H &
o T Fr 16/24bit KM E
2.8.6.1 {Z L &
Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support z==>
Allwianer SoC Audio support---—>
<*>'Allwinner DMIC Support
2.8.6.2 sys_config fiC. &
[dmic]
dmic_used =0
[snddmic]
&AW, BAR T 82

Copyright © 2019 Allwinner Technelogy. All rights reserved.



Auwiner

snddmic_used =0

dmic B2 &, Bl platform 3% 5 #y 48 X BL &

dmic T2 & dmic 2 & 1. A

dmic_used &G HHA dmic Tz, 02 FAEA; 1. FA

snddmic Bt &, EF machine ZX 51 B 48 % B2 &

snddmic B2 & snddmic & & %

snddmic_used & T Al snddmic Bz, 0: AER; 1: FEA

2.8.7 A F MM 7 %

ZEREBENBEFELHATER, TFHIR A4

2.8.7.1 %k

i ¥ SPKL/RAE K, Filgn o\ 4 2 Q&

amixer -Dhw:audiocodec cset name=‘All§§N OL Mux''AIF1_DAOL'
amixer -th&iocodec cset name=AIFIINOR Mux' 'AIF ]l SDAOR'
amixer -Dhw:audiocodec cset name="DACL Mixer AIF1DAOL Switch' 1
amixer -Dhw:audiocodec cset name='"DACR Mixer AIFIDAOR Switch' 1
amixer -Dhw:audiocodec cset name="Left Output Mixer DACL Switch' 1
amixer -Dhw:audiocodec cset name='Right Output Mixer DACR Switch' 1
amixer -Dhw:audiocodec cset name='SPK_R Mux' 'MIXER Switch'
amixer -Dhw:audiocodec cset name='SPK L Mux' 'MIXEL Switch'
amixer -Dhw:audiocodec cset name='External Speaker Switch' 1

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

EETE R R LNEUEE:

amixer -Dhw:audiocodec cset name='"speaker volume' 28

SRR B TH, B K
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i# I LINEOUTL/R#% 4k

amixer -Dhw:audiocodec cset name="AIF1INOL Mux' 'AIF1_DAOL'
amixer -Dhw:audiocodec cset name="AIF1INOR Mux' 'AIF1_DAOR'
amixer -Dhw:audiocodec cset name="DACL Mixer AIFIDAOL Switch' 1
amixer -Dhw:audiocodec cset name='"DACR Mixer AIFIDAOR Switch' 1
amixer -Dhw:audiocodec cset name='"Left Output Mixer DACL Switch' 1
amixer -Dhw:audiocodec cset name='Right Output Mixer DACR Switch' 1
amixer -Dhw:audiocodec cset name="LINEOUTL Mux' 'LOMIX'

amixer -Dhw:audiocodec cset name="LINEOUTR Mux' 'ROMIX'

amixer -Dhw:audiocodec cset name="Lineout Switch' 1

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

T A AR TR LR 2

amixer -Dhw:audiocodec cset name='lineout volume' 28

2%

.
7

i 1t HPOUTL/R#% &, 17 #7 F- A1

amixer -Dhw:audiocodec cset name="AIF1INOL Mux' 'AIF1_DAOL'
amixer -Dhw:audiocodec cset name='AIF1INOR Mux' 'AIF1_DAOR'
amixer -Dhw:audiocodec cset name="DACL Mixer AIF1DAOL Switch' 1
amixer -Dhw:audiocodec cset name="DACR Mixer AIFIDAOR Switch' 1
amixer -Dhw:audiocodec cset name="HP_R Mux' 'DACR HPR Switch'
amixer -Dhw:audiocodec cset name="HP L Mux' 'DACL HPL Switch'
amixer -Dhw:audiocodec cset name="Headphone Switch' 1

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

T E T AR TR L RUE S

amixer -Dhw:audiocodec cset name="headphone volume' 60

2.8.7.2 i—%i\
A\

# ¥ MIC1,MIC25% &

amixer -Dhw:audiocodec cset name='LADC input Mixer MIC1 boost Switch' 1
amixer -Dhw:audiocodec cset name="RADC input Mixer MIC2 boost Switch' 1
amixer -Dhw:audiocodec cset name='AIF1 ADOL Mixer ADCL Switch' 1
amixer -Dhw:audiocodec cset name='AIF1 ADOR Mixer ADCR Switch' 1
amixer -Dhw:audiocodec cset name='AIF1OUTOL Mux' 'AIF1_ADOL'

amixer -Dhw:audiocodec cset name='AIF1OUTOR Mux' 'AIF1_ADOR'

amixer -Dhw:audiocodec cset name="MIC1 boost AMP gain control' 4
amixer -Dhw:audiocodec cset name="MIC2 boost AMP gain control' 4

2 SRR, BNL R
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arecord -Dhw:audiocodec -f S16_LE -r 16000 -c 2 /tmp/test.wav

2.9 R58 T EH

2.9.1 B HIE

R58 A4 H—A 12S(TDM) # 1, HE 7 £ I 440 AXP813,AXP813 & T # f#t PMU 78 %X 7 &
s, ¥ W & A audiocodec.

&l 20: R58 & #1814 4E &

2.9.2 Bf R

pll_audio [ L% 1 24.576M B4 22.5792M M ET 4, 47| FF 48k R 7|, 44.1k RIIE R E T
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2.9.3 AL £ Ay

linux-3.4/sound/soc/sunxi/daudio0
F——a83_ac100.c // ac100 machine %5
F——a83_ac200.c // ac200 machine B2
F—— bb_dai.c // cpudai(bb-voice-dai) B
F—— sunxi-daudio0.c // cpudai(pri_dai) B
F—— sunxi-daudio0.h

F—— sunxi-daudiodma0.c // platform 3 5
L— sunxi-daudiodma0.h

linux-3.4/sound/soc/codecs/

F——ac100_dapm.c // ac100 codec 25

F—— acx00_dapm.¢/ ac200 codec BB O
L— acx00_dapm.h Q

2.9.4 Daudio

B

— ¥ 12S/PCM;

FFEFEMNER

¥ ¥F Left-justified,Right-justified,Standar mode 12S,PCM mode,TDM mode
X #F i2s,pem TS AT B

X #r [A] B palyback 7 record(2 M T )

X 85192KHz KR #

X H 16,24,32bit KA E

29.4.1 AL E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->

X RBRTH, BALT
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<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> SoC daudio0 tdm interface for SUNXI chips
<*> Machine for A83 ACX00
<*>virtual bb interface
<*> SUNXI AudioCodec ACX00 DAPM

2.9.4.2 sys_config I &

[acx0] D
ac100 used =1 &Q
ac200 used =0 &
acx0 BC &, BIEC & & % A ac100/ac200(# /£ AXP813 )
acx0 fit. & acx0 Bt & 1t B4
ac100 used & & HE R acl00 W, 0: NMERA; 1: FA
ac200 used LA acl00 Wz, 0: FFEF; 1: FA
[tdmO0]

daudio _used =1
daudio_master = 4
daudio_select =1

%

audio_format =1
signal_invers(‘k&\l =1
mclk fs=1512

sample resolution = 16
slot width_select = 16
;pcm_sync_period = 256
pem_lrck period = 32
pem_lrckr period = 1
msb_Isb_first=0
sign_extend = 0
slot_index =0
slot_width =32

frame width =0
tx_data_mode =0
rx_data mode =0

X RBRTH, BALT
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i2s_mclk = port:PB08<3><1><default><default>
i2s_bclk = port:PB05<3><1><default><default>
i2s_lIrclk = port:PB04<3><1><default><default>
i2s_dout0 = port:PB06<3><1><default><default>

;i2s_doutl =
;128 dout2 =
;12s dout3 =

i2s_din = port:PB07<3><1><default><default>

tdmO Bt &

tdmO 2 & 11, B

daudio master

daudio_select

audio format

signal inversion

sample resolution
slot width_select
pcm_lrck period
pem_Irckr period
msb_Isb_first
sign_extend
tx_data_mode
rx_data mode
i2s_bclk

1: SND_SOC_DAIFMT _CBM_CFM(codec clk & FRM master), Bl daudio #
o 1€ 4 slave, codec {E % master 2: SND SOC DAIFMT CBS CFM(codec
clksslave & FRM master), — #% 1/ 3:
SND_SOC_DAIFMT_CBM_CFS(codec clk master & frame slave), — #% 1~ A
4: SND SOC_DAIFMT CBS CFS(codec clk & FRM slave), B daudio # &
1€ % master, codec 1€ %7 slave

0: pcm mode; 1: i2s mode

1: SND SOC DAIFMT I2S(standard i2s format) 2:

SND_SOC DAIFMT RIGHT J(right justfied format) 3:

SND_SOC DAIFMT LEFT J(left justfied format) 4:

SND SOC DAIFMT DSP A(pcm. MSB is available on 2nd BCLK rising
edge after LRC rising edge) 5: SND SOC DAIFMT DSP_B(pcm. MSB is
available on 1nd BCLK rising edge after LRC rising edge)

1: SND SOC _DAIFMT NB NF(normal bit clock + frame) 2:

SND _SOC DAIFMT NB_IF(normal BCLK + inv FRM) 3:

SND SOC DAIEMT IB NF(invert BCLK + notr FRM) 4:

SND_SOC DAIFMT IB_IF(invert BCLK + FRM)

K AEHE JZ, 16bit, 24bit,32bit

X # 8bit, 16bit, 32bit 7 &

"L E 16/32/64/128/256 /) belk

" B E 16/32/64/128/256 4~ belk

0: msb first; 1: Isb first

0: zero pending; 1: sign extend

0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law

0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law

i2s belk 5 B
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tdm0 f2 & tdm0 & & 1% B4
i2s_Irclk i2s_Irclk 7|
i2s_dout0 i2s_dout 5| f#
i2s_din i2s_din 5| i
2.9.4.3 codec %X #5318 %
))))) ] N swseuxl, TTIITIEY b ‘
] 21: R58 ac100 & 47 i %
8
i@iHPOUTi/R%%k
AIF1DACL --> AIF1INOL Mux --> DACL Mixer --> Left Output Mixer --> HP_L Mux --> HPOUTL --> Headphone
AIFIDACR --> AIF1INOR Mux --> DACR Mixer --> Right Output Mixer --> HP_R Mux --> HPOUTR --> Headphone
i 3 MIC1,MIC2 % &
AIF1ADCL <-- AIFIOUTOL Mux <-- AIF1 ADOL Mixer <-- ADCL Mux <-- LEFT ADC input Mixer <-- MIC1 PGA <-- MICIP/N
ATF1ADCR <-- AIFIOUTOR Mux <-- AIF1 ADOR Mixer <-- ADCR Mux <-- RIGHT ADC input Mixer <-- MIC2 PGA <-- MIC2 SRC <-- MIC2
ac100 M KX E 4 T *:
T4 o #E HE
Headphone Switch Headphone # % £ & 0: XW; 1: FF B
A BRI H, BALR 89
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T4 o /¢ HME
ADC volume ADCL/ADCR ¥ #1X & 0--0xff, 0 & 7~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, 41 0xA0
* 7~ 0dB

ADCL Mux ADCL Mux % &, X % # 0:ADC

0:ADC
ADCR Mux ADCR Mux % &, R X # 0:ADC

0:ADC
AIF1 ADOL Mixer AIF1 ADOL Mixer X &, # 0: xW;1: FF &
ADCL Switch f ADCL i %
AIF1 ADOL Mixer AIF1 ADOL Mixer % &, £ 0% HAl; 1: B
AIF1 DAOL Switch i AIF1 DAOL i %
AIF1 ADOL Mixer AIF1 ADOL Mixer &, # 0: xW;1: 7T &
AIF2 DACL Switch # AIF2 DACL i %
AIF1 ADOL Mixer AIF1 ADOL Mixer % &, £ 0: X{; 1: B
AIF2 DACR Switch # AIF2 DACR i %
AIF1 ADOR Mixer AIF1 ADOR Mixer % &, £ 0: xW; 1: T &
ADCR Switch # ADCR # %
AIF1 ADOR Mixer AIF1 ADOR Mixer B &, £ 0: X{; 1: )8
AIF1 DAOR Switch & AIF1 DAOR i %
AIF1 ADOR Mixer AIF1 ADOR Mixer X &, £ 0: x[; 1: FF B
AIF2 DACL Switch # AIF2 DACL i %
AIF1 ADOR Mixer AIF1 ADOR Mixer &, £ 0: X[; 1: )8
AIF2 DACR Switch #EAIF2 DACR @ %
AIF1 ADIE Mixer AIF1 ADIL Mixer X &, £ 0: X H; 1: 7B
ADCL Switch & ADCL # %
AIF1 ADI1L Mixer AIF1 ADIL Mixer &, # 0: KXW 1: 7T B
AIF2 DACL Switch i AIF2 DACL i %
AIF1 ADIR Mixer AIF1 ADIR Mixer X &, # 0: XH; 1: 7B
ADCR Switch & ADCR i %
AIF1 ADIR Mixer AIF1 ADIR Mixer % &, & 0: xW; 1: FF B

AIF2 DACR Switch gt AIF2 DACR i %

X RBRTH, BALT
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B AR

71 &k

H

AIF1 ADC timeslot 0

mixer gain

AIF1 ADCOL/ADCOR
Mixer, % 7 3 i

0:0dB; 1:-6dB; *f T ADCOL Mixer,
bit0:AIF2 DACR; bitl:ADCL; bit2:AIF2

DACL; bit3:AIF2 DAOL; *f T ADCOR
Mixer, bit0:AIF2 DACL; bitl:ADCR;
bit2:AIF2 DACR; bit3:AIF2 DAOR;
0--0xff, 0 & 7~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, 41 0xA0
&~ 0dB

0:0dB; 1:-6dB; % ADCIL Mixer,
bit0:ADCL; bit1:AIF2 DACL; T ADCIR
Mixer, bit0:ADCR; bitl:AIE2 DACR;
0--0xff, 0 & 7~ mute, 0x 1~0xff & 7~
-119.25dB~71.25dB, 0.75dB/step, #r 0xA0
%7~ 0dB

0--0xff, 0 % 7~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, % 0xA0
&~ 0dB

0--0xff, 0 %% 7~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, 41 0xA0
&7~ 0dB

0:AIF1 _DAOL; 1:AIF1_DAOR;
2:SUM_AIFIDAOL_ AIF1DAOR;

3:AVE _AIFIDAOL AIF1DAOR
0:AIF1_DAOR; 1:AIF1_DAGOL;
2:SUM_AIFIDAOL AIF1DAOR;

3:AVE _AIFIDAOL_ AIF1DAOR

0:AIF1 DAIL; 1:AIF1_DAIR;
2:SUM_AIFIDAIL AIFIDAIR;
3:AVE_AIFIDAIL AIF1DAI1R

0:AIF1 _DAIR; 1:AIF1 _DAIL;
2:SUM_AIFIDAIL AIFIDAIR;
3:AVE_AIFIDAIL AIF1IDAIR

AIF1 ADC timeslot 0 AIF1 ADCOL/ADCOR & &
volume KE

AIF1 ADC timeslot 1

mixer gain

AIF1 ADCIL/ADCIR
Mixer, # ¥ ¥ i

AIF1 ADC timeslot 1 AIF1 ADCIL/ADCIR & &
volume wE

AIF1 DAC timeslot 0 AIF1 DACOL/DACOR & &
volume KE

AIF1 DAC timeslot 1 AIF1 DACIL/DACIR & &
volume K®E

AIF1INOL Mux AIF1INOL Mux % &

AIF1INOR Mux AIF1INOR Mux % &
AIF1INIL Mux % &

AIF1INIL Mux

AIF1IN1R Mux AIF1INIR Mux £ &

SRR B TH, B K 91
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L ) ik B
ATF10UTOL Mux AIF1IOUTOL Mux % & 0:AIF1_ADOL; 1:ATF1_ADOR;

2:SUM_AIFI1ADOL AIF1ADOR;
3:AVE AIF1ADOL AIF1ADOR
AIF1IOUTOR Mux AIF1IOUTOR Mux % & 0:AIF1_ADOR; 1:AIF1_ADOL;
2:SUM_AIF1ADOL AIF1ADOR;
3:AVE_AIF1IADOL AIF1ADOR
AIF1OUTIL Mux AIF1OUTIL Mux % & 0:AIF1_ADIL; 1:AIF1_ADIR;
2:SUM_AIF1ADIL AIF1ADIR,;
3:AVE AIF1IADIL AIF1ADIR
AIF10UTI1R Mux AIF1OUTIR Mux:ik & 0:AIF1_ADIR; IAIF1 ADIL;
2:SUM_AIFIADIL AIF1ADIR;
3:AVE AIF1ADIL AIF1ADIR
DAC mixer gain DAC mixer ¥ #7 0:0dB; 1:-6dB; *f T DACL Mixer,
bit0:ADCL; bitl:AIF2 DACL; bit2:AIF1
DACIL; bit3:AIF1 DACOL; *f + DACR
Mixer, bit0:ADCR; bit]l:AIF2 DACR;
bit2:AIF1 DACIR; bit3:AIF1 DACOR;

DAC volume DACL/DACR &% & 0--0xff, 0 % ’~ mute, 0x1~0xff &~
-119.25dB~71.25dB, 0.75dB/step, 41 0xA0
%~ 0dB

DACL Mixer ADCL DACL Mixer % &, 18 0: xW; 1: FF B

Switch ADCL i %

DACL Mixer DACL Mixer % &, fF &t 0K H; 1: IF /B

AIF1DAOL Switch AIF1DAOL #.%

DACL Mixer DACL Mixer % &, f# ¢t 0: xW; 1: FF B

AIF1DA1L Switch AIFIDAIL # %

DACL Mixer DACL Mixer % &, ## 0: XW; 1: 7 B

AIF2DACL Switch AIF2DACL i %

DACR Mixer ADCR DACR Mixer % &, 1# & 0: XK 1: FF B

Switch ADCR i %

DACR Mixer DACR Mixer % &, 1 0: KXW 1: Fr B

AIF1DAOR Switch AIF1DAOR i %

DACR Mixer DACR Mixer % &, £k 0: XM 1: Ir B

AIFIDAIR Switch AIF1DAIR # %
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RCE A 7 &k HE
DACR Mixer DACR Mixer % &, &  0: X H; 1: T3
AIF2DACR Switch AIF2DACR 3 B
External Speaker 1# 8¢ Headphone L % PA 0: XW; 1: FF B
Switch
HP_L Mux HP L Mux % & 0:DACL ; 1:Left Output Mixer
HP_R Mux HP R Mux % & 0:DACR ; 1:Right Output Mixer
LEFT ADC input Mixer LEFT ADC input Mixer %  0: XK ; 1: 7F &
Lout Mixer Switch B, f£# Lout Mixer & %
LEFT ADC input Mixer LEFT ADC input Mixer %  0: % [; 1: JF &
MIC1 boost Switch By ERE MICL @ 5
LEFT ADC input Mixer ~LEFT ADC input Mixer % . 0: % [; 1: 52
MIC2 boost Switch B, fEaE MIC2 i B
LEFT ADC input Mixer LEFT ADC input Mixer ¥  0: X H; 1: 7 &
Rout Mixer Switch &, {##E Rout Mixer i %
Left Output Mixer Left Output Mixer % &, # 0: XH; 1: FF 2
DACL Switch At DACL i %
Left Output Mixer Left Output Mixer 8 &, & 0: xW; 1: T &
DACR Switch fE DACR i %
Left Output Mixer Left Output Mixer X &, # 0: XH; 1: FF 2
MIC1Booststage it MIC1 & #%
Switch
Left Output Mixer Left Output Mixer &, £ 0: X W; 1: T /8
MIC2Booststage FE-MIC2 3 %
Switch
MIC1 boost amplifier ~ MIC1 #¥ 32 0--7, 0:0dB, 1~7:24--42dB,3dB/step
gain
MIC2 SRC MIC2 SRC % & 0:MIC3; 1:MIC2
MIC2 boost amplifier MIC?2 # 35 0--7, 0:0dB, 1~7:24--42dB,3dB/step
gain
RIGHT ADC input RIGHT ADC input Mixer %  0: X ; 1: T B
Mixer &, f#£8&¢ Lout Mixer i %
Lout Mixer Switch

2 SRR, BNL R 93

Copyright © 2019 Allwinner Technelogy. All rights reserved.



< Auwiner

Copyright © 2019 Allwinner Technelogy. All rights reserved.

e 25
4R o7 &E HE
RIGHT ADC input RIGHT ADC input Mixer %  0: % H; 1: FF &
Mixer MIC1 boost E, fEfk MICI B
Switch
RIGHT ADC input RIGHT ADC input Mixer %  0: % [; 1: Fr B
Mixer MIC2 boost E, A MIC2 B
Switch
RIGHT ADC input RIGHT ADC input Mixer %  0: X ; 1: A B
Mixer &, 1#& Rout Mixer i %
Rout Mixer Switch
Right Output Mixer Right Output Mixer % & , 0s5% M5 1: I B
DACL Switch £ 8 DACL & #%
Right Output Mixer Right Output Mixer % &, 0: XW; 1: A B
DACR Switch f# ¢ DACR # %
Right Output Mixer Right Output Mixer % &, 0: X H; 1: JF g
MIC1Booststage £ 58 MIC1 3 %
Switch
Right Output Mixer Right Output Mixer % & , 0: XH; 1: FF B
MIC2Booststage 7 68 MIC2 # %
Switch
digital volume HFEERE 0--63, & I~ -73.08--0dB
headphone volume headphone & E1X & 0--63,0 & 7~ mute; 1~63 &~ -62dB--0dB
2.9.5 A& F M 7T %
2.9.5.1 #F ik

i 18 AL A

amixer -Dhw:sndac100 cset name="headphone volume' 60

amixer -Dhw:sndac100 cset name='AIF1INOL Mux''AIF1 _DAOL'

amixer -Dhw:sndac100 cset name='AIF 1INOR Mux' ‘AIF1_DAOR'

amixer -Dhw:sndac100 cset name="DACL Mixer AIFIDAOL Switch' 1
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amixer -Dhw:sndac100 cset name="DACR Mixer AIFIDAOR Switch' 1
amixer -Dhw:sndac100 cset name="HP_R Mux' 'DACR HPR Switch'
amixer -Dhw:sndac100 cset name="HP L Mux' 'DACL HPL Switch'

amixer -Dhw:sndac100 cset name='"Headphone Switch' 1

aplay -Dhw:sndac100 /mnt/UDISK/1KHz 0dB_16000.wav

2952 F &

i A MICL,MIC2 F & >
amixer -Dhw:sndac100 cset name="MIC2'SRC' 'MIC3' \\(\
amixer -Dhw;sndac100 cset name='"LEFT ADC input MixerMIC1 boost Switch' 1 Q
amixer -Dhw:sndac100 cset name="RIGHT ADC input Mixer MIC2 boost Switch' 1

amixer -Dhw:sndac100 cset name='AIF1 ADOL Mixer ADCL Switch' 1

amixer -Dhw:sndac100 cset name='AIF1 ADOR Mixer ADCR Switch' 1

amixer -Dhw:sndac100 cset name='AIFIOUTOL Mux' 'AIF1_ADOL'

amixer -Dhw:sndac100 cset name='AIFIOUTOR Mux' 'AIF1_ADOR'

amixer -Dhw:sndac100 cset name="MIC1 boost amplifier gain' 4
amixer -Dhw:sndac100 cset name="MIC2 boost amplifier gain' 4

arecord -Dhw:sndac100 -f S16_LE -r 16000 -c 2 /tmp/test.wav

2.10 R332 ¥ ¥ 0

N\
S

O

2.10.1 B % B

R332 &4 2 MEHER, 472N E audiocodec L % daudioO.

2 SRR, BNL R
Copyright © 2019 Allwinner Technology. All rights reserved.

95



Auwiner
C B

Codec Daudio0
Mic External
Speaker Codec

& 22: R332 & MM AE 1 4E 1A

2.10.2 B4t B

R332 #, 25 MU e it #7 JF 2 5k Eopll_audio
pll_audio F] DA% 24.576M B # 22.5792M By AT 48, 77| X FF 48k £ 7, 441k ZH|EH K F .
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pll_audio
codec clock 12s0 clock
S
audiocodec daudio0
& 23: R332 B 4R
2.10.3 KA &4
linux-4.9/sound/soc/sunxi/
F—— sunxi-pem.c // 12 & i Mplatform B3 898 1 R AH = B E
|—— sunxi-pcm.h
|—— sun8iw8
| | sunxi_codec.c // cpudai B
| | sunxi_codecdma.c // codec platform35)
| |—— sun8iw8_sndcodec_new.c // codec I 7]
| L——sunxi_sndcodec.c // codec machine 32 5
F—— sunxi-daudio.c // daudio platform ¥ 7/
L—— sunxi-snddaudio.c // daudio machine 3 5
linux-4.9/sound/soc/soc-utils.c // daudio codec3r 5
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2.10.4 Audiocodec

B AR

# % DAC

— X ¥ 16bit,24bit FHEHE E
_ ¥ 8KHz~192KHz F £ %

% ADC

— X % 16bit,24bit R M E
— X # 8KHz~48KHz K # %

P B U

— —E Rk F LINEOUT % # (LINEOUTP, LINEOUTN)
— — ¥ 7k * headphone i 1! (HPOUTL, HPOUTR)

7 BB MIC1,MIC2

o ¥ [ At playback £ record(2 W T R)
e 3+ ADC #1 AGC,DRC 7 &

e X # DAC #1 DRC 3§k

2.104.1 HERE

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
<*> Audiocodec for the SUNXI chips

2.10.4.2 sys_config I &

X RBRTH, BALT
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B
[codec]
headphone_vol = 0x3b
lineout_vol = 0x1la
audio_pa_ctrl = port:PB05<1><default><default><0>
adcagc_used =0
adcdrc_used =0
dacdrc_used =0
adchpf used =0
dachpf used =0
codec fL & codec T & it BH
headphone vol headphone volume, F[ % & 3 F 0~0x3f, 0 & 7~ mute, 1~63 &~
-62dB~0dB; 1dB/step
audio_pa_ctrl PA £ RET|
adcagc used 1:use adcagc 0:no use
adcdrc_used 1:use adcdre 0:no use
dacdrc used 1:use dacdrc 0:no use
adchpf used 1:use adchpf 0:no use
dachpf used l:use dachpf 0:no use
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2.10.4.3 codec F{IE i %

MICBIAS MICBIASEN HBIAS . —~ HBIASEN
AP — 25y V»r'v—:\A/ - 2.5V
ME1P ; _ - ADC HMICDATA “;LEM
MICIN G M1
! ! V> -~
%ﬂw Vi) + —[G/'—KQADC_L
MIC2N 11 b_
CiNEiE _
} _%':I:: 7
HPCOMFB — -
(M + —|G—>< ADC_R
do |[ O =
M1 M —
M1 [M1[M]
-
———<—<_DAC_.L
YyYvyy
wpour | | G ] :R<| + | [Ty
v \AA —|
HPOUTR & ‘ [+ <« DAC R
LINEOUP S| h
LINEQUTN G:'
] 24: R332 & /&
A
DACL --> Left Output Mixer --> LINEOUTL
DACR --> Right Output Mixer --> LINEOUTR
F*E
MICI1P --> LADC input Mixer --> ADCL
MIC2P --> RADCsriput Mixer --> ADCR
2R ik HfE
Lineout volume lineout ¥ 81X & 0--31, &7~ -43.5--0dB
ADC input gain control ADC ¢ #1 0--7, &7~ -4.5--6dB
HP_L Mux HP L Mux % & 0:DACL HPL Switch;
I:MIXER L Switch
HP R Mux HP R Mux % & 0:DACR HPR Switch;

I:MIXER R Switch
LADC input Mixer MIC1 boost ~LADC input Mixer % &, 1# & 0: XHl; 1: It B

Switch MICI & &
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LADC input Mixer MIC2 boost ~ LADC input Mixer %X &, & 0: xH; 1: FF B
Switch MIC?2 i#
LADC input Mixer 1_output LADC input Mixer % &, f##¢ 0: XW; 1: FF B
mixer Switch 1 output i #
LADC input Mixer r_output LADC input Mixer X &, f# & 0: < H; 1: FF B
mixer Switch r_output i #
Left Output Mixer DACL Left Output Mixer 1% &, £ & 0: xH; 1: FFE
Switch DACL i #
Left Output Mixer DACR Left Output Mixer %X &, & 0: X H; 1: FF B
Switch DACR &%
Left Output Mixer Left Qutput Mixer %8, f# & 0: % ; 1: FF B
MIC1Booststage Switch MIC1 i# %
Left Output Mixer Left Output Mixer X &, & 0: XM 1: I B
MIC2Booststage Switch MIC?2 & %
MIC1 boost AMP gain control MIC1 # 3 0--7, 0:0dB, 1~7:24--42dB,
3dB/step
MIC1_G boost stage output MICI to L or R output Mixer # 1  0--7, &~ -4.5--6dB
mixer control
MIC2 SRC MIC2 SRC % & 0:MIC3; 1:MIC2
MIC2 boost AMP gain control MIC2 # 25 0--7, 0:0dB, 1~7:24--42dB,
3dB/step
MIC2_G boost stage output MIC?2 to L or R output Mixer ¥ 1  0--7, &~ -4.5--6dB
mixer control
RADC input Mixer MICL-boost RADC input Mixer W&, 1¥ gt 0: < H; 1: FF B
Switch MIC1 # %
RADC input Mixer MIC2 boost RADC input Mixer 1% &, {##¢ 0: XW; 1: FF B
Switch MIC2 i %
RADC input Mixer 1_output RADC input Mixer %X &, f# 8 0: xH; 1: FF B
mixer Switch 1_output i #%
RADC input Mixer r_output RADC input Mixer % &, £ 0: XW; 1: FF B
mixer Switch r_output i %
Right Output Mixer DACL Right Output Mixer X &, #a  0: KXH; 1: FF B
Switch DACL i# %
SRR B TH, B K 101
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4R o /e M

Right Output Mixer DACR Right Output Mixer & &, &  0: XW; 1: T B

Switch DACR # %

Right Output Mixer Right Output Mixer X &, g  0: XM 1: T B

MIC1Booststage Switch MIC1 # %

Right Output Mixer Right Output Mixer % &, &  0: XM 1: 7T &

MIC2Booststage Switch MIC2 i #

SPK_L Mux SPK L Mux X & 0:MIXER_L Switch; 1:MIXR
+MIXL

SPK_R Mux SPK_R Mux % & 0:MIXER_L Switch; 1:MIXR

digital volume

headphone volume

HFFERE
headphone & 1% &

+MIXL
0--63, &7~ -73.08--0dB
0--63,0 & 7~ mute; 1~63 &Ko~
-62dB--0dB

B3 E

1.

# it lineout % % :

amixer -D hw:audiocodec cset name='SPK L Mux' 1

amixer -D hw:audiocodec cset name='SPK_R Mux' 1

amixer -D hw:audiocodec cset name='Right:Qutput Mixer DACR Switch' 1
amixer -D hw:audiecodec cset name='Left’Output Mixer DACL-Switch' 1
amixer -D hwsaudiocodec cset name='digital volume' 6

2 B

N
S
my
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WA MIC1,MIC2 % % :
amixer -D hw:audiocodec cset name='"LADC input Mixer MIC1 boost Switch' 1

amixer -D hw:audiocodec cset name="RADC input Mixer MIC2 boost Switch' 1
amixer -D hw:audiocodec cset name="MIC2 SRC' 0

amixer -D hw:audiocodec cset name='"MIC1 boost AMP gain control' 4

amixer -D hw:audiocodec cset name='"MIC2 boost AMP gain control' 4

2.10.5 Daudio

BRI

— % 12S/PCM;

TEHEEAERX

¥ #F Left-justified,Right-justified,Standar mode 12S,PCM mode
X # i2s,pem TG A B B

3 # mono 7 stereo 1% X,

X # [ Bt palyback 7 record(2 W T R)

X 8~192KHz K %

X 16,24,32bit KK E

2.10.5.1 A E

\‘ N
D
Device Drivers --—>
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->

<*> Allwinner Digital Audio Support

2.10.5.2 sys_config fit. &

SRR B TH, B K 103
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[tdmO]

daudio used =0

daudio_master =4

daudio_select =1

audio_format =1

signal_inversion = 1

sample resolution = 16

slot_width_select = 16

pem_lrck period = 32

pem_lrckr period = 1

msb_Isb_first=0

sign_extend = 0

tx_data_ mode =0

rx_data_mode =0

;128 mclk = port:PB08<2><1><default><default>
i2s_bclk = port:PG11<2><1><default><default>
i2s_lrclk = port:RG10<2><1><default><default>
i2s_dout0 = pert:PG12<2><1><default><default>
i2s_doutl =

i2s dout2 =

i2s_dout3 =

i2s_din = port:PG13<2><1><default><default>

tdm0 2 & tdmO 2 & 1. B

daudio master 1: SND _SOC_DAIFMT CBM CFM(codec clk & FRM master), Bl daudio £
E 1€ 4 slave, codec 1E A master 2: SND SOC DAIFMT CBS CFM(codec
clk slave & FRM master), — % 1~ A 3:
SND SOC DAIFMT CBM CFS(codec clk master & frame slave), — #& 1~
4: SND SOC DAIFMT CBS_CFS(codec clk & FRM slave), BF daudio # &
1€ A master, codec {E 4 slave

daudio_select 0: ' pcm mode; 1::i2s mode

audio_format 1: SND_SOC_DAIFMT I2S(standard i2s format) 2:
SND_SOC DAIFMT RIGHT J(right justfied format) 3:
SND _SOC DAIFMT LEFT J(left justfied format) 4:
SND_SOC DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK rising
edge after LRC rising edge) 5: SND SOC _DAIFMT DSP_ B(pcm. MSB is
available on 1nd BCLK rising edge after LRC rising edge)

signal _inversion 1: SND SOC DAIFMT NB NF(normal bit clock + frame) 2:
SND SOC_DAIFMT NB_IF(normal BCLK + inv FRM) 3:
SND SOC DAIFMT IB_NF(invert BCLK + nor FRM) 4:
SND SOC DAIFMT IB_IF(invert BCLK + FRM)
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tdm0 & & tdm0 & & 1t B4
sample resolution X FEAE /£ ,16bit, 24bit,32bit
slot width_select ¥ #F 8bit, 16bit, 32bit 3 &
pem_Irck period F L E 16/32/64/128/256 /> belk
pem_Irckr period B L E 16/32/64/128/256 /> belk
msb_Isb_first 0: msb first; 1: Isb first
sign_extend 0: zero pending; 1: sign extend
tx_data mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
rx_data mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
i2s belk i2s belk 7|
i2s_lIrclk i2s_lrclk 7|
i2s_dout0 i2s_dout 5| f#
i2s_din i2s_din 5| i
2.10.6 4 codec:AC100
2.10.6.1 W ZECE
2.10.6.2 sys_config fit. &
2.10.7 75 =8 IR 7%
ZEVTEENFERE LHATER, FTFHNRG4A
2.10.7.1 &7k
amixer -D hw:audiocodec cset name='SPK L Mux' 1
amixer -D hw:audiocodec cset name='SPK_R Mux' 1
amixer -D hw:audiocodec cset name='Lineout volume' 24
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amixer -D hw:audiocodec cset name='Right Output Mixer DACR Switch' 1
amixer -D hw:audiocodec cset name='Left Output Mixer DACL Switch' 1
amixer -D hw:audiocodec cset name='digital volume' 0

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

AT A A TR LR &

amixer -Dhw:audiocodec cset name='Lineout volume' 50

2.10.7.2 &

%~ T | audiocodec # 1T MIC1,MIC2 X &

amixer -D hw:audiocodec cset name='"LADC input Mixer MIC1 boost Switch' 1
amixer -D hw:audiocodec cset name='"RADC input Mixer MIC2 boost Switch' 1
amixer -D hw:audiocodec cset name='MIC1 boost AMP gain control' 4

amixer -D hw:audiocodec cset name="MIC2 SRC' 0

amixer -D hw:audiocodec cset name='"MIC2 boost AMP gain control' 4

arecord -Dhw:audiocodec -f S16_LE -r 16000 -c 2 /tmp/test.wav

2.11 R333 & #i = 10

2.11.1 KB

R333 &4 2 NEHMER, 45 Z W E audiocodec L& daudioO.
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Codec Daudio0
Mic External
Speaker Codec

& 25: R333 & #MAE 1 4E 1A

2.11.2 Bt 4B

R333 &, 25 HUE S it #7 JF 2 5k Eopll_audio
pll_audio F] DA% 24.576M B # 22.5792M By AT 48, 77| X FF 48k £ 7, 441k ZH|EH K F .
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pll_audio
codec clock 12s0 clock
S
audiocodec daudio0
& 26: R333 B 4R
2.11.3 REG LAY
linux-4.9/sound/soc/sunxi/
F—— sunxi-pem.c // 12 & i Mplatform B3 898 1 R AH = B E
|—— sunxi-pcm.h
|—— sun8iw8
| | sunxi_codec.c // cpudai B
| | sunxi_codecdma.c // codec platform35)
| |—— sun8iw8_sndcodec_new.c // codec I 7]
| L——sunxi_sndcodec.c // codec machine 32 5
F—— sunxi-daudio.c // daudio platform ¥ 7/
L—— sunxi-snddaudio.c // daudio machine 3 5
linux-4.9/sound/soc/soc-utils.c // daudio codec3r 5
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2.11.4 Audiocodec

B AR

% DAC

— ¥ 16bit,24bit K FEAE E
_ ¥ 8KHz~192KHz F £ %

% ADC

— X % 16bit,24bit R M E
— X # 8KHz~48KHz K # %

P B U

— —E Rk F LINEOUT % # (LINEOUTP, LINEOUTN)
— — ¥ 7k * headphone i 1! (HPOUTL, HPOUTR)

7 BB MIC1,MIC2

o ¥ [ At playback £ record(2 W T R)
e 3+ ADC #1 AGC,DRC 7 &

e X # DAC #1 DRC 3§k

21141 A E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
<*> Audiocodec for the SUNXI chips

2.11.4.2 sys_config it &

& A BOAET A, RARAE T 109
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[codec]

headphone_vol = 0x3b

lineout_vol = 0x1la

audio_pa_ctrl = port:PB05<1><default><default><0>
adcagc_used =0

adcdrc_used =0

dacdrc_used =0

adchpf used =0

dachpf used =0

codec fL & codec B & 1. FH
headphone vol headphone volume, F[ % & 3 F 0~0x3f, 0 & 7~ mute, 1~63 &~
-62dB~0dB; 1dB/step
audio_pa_ctrl PA £ RET|
adcagc used 1:use adcagc 0:no use
adcdrc_used 1:use adcdre 0:no use
dacdrc used 1:use dacdrc 0:no use
adchpf used 1:use adchpf 0:no use
dachpf used l:use dachpf 0:no use
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2.11.4.3 codec #{1E# B

MICBIAS MICBIASEN HBIAS . —~ HBIASEN
AP — 25y V»r'v—:\A/ - 2.5V
ME1P ; _ - ADC HMICDATA “;LEM
MICIN G M1
! ! V> -~
%ﬂw Vi) + —[G/'—KQADC_L
MIC2N 11 b_
CiNEiE _
} _%':I:: 7
HPCOMFB — -
(M + —|G—>< ADC_R
S =
M1 M —
M1 [M1[M]
-
———<—<_DAC_.L
YyYvyy
wpour | | G ] :R<| + | [Ty
v \AA —|
HPOUTR & ‘ [+ <« DAC R
LINEOUP S| h
LINEQUTN G:'
Al 27: R333 & /&
A
DACL --> Left Output Mixer --> LINEOUTL
DACR --> Right Output Mixer --> LINEOUTR
F*E
MICI1P --> LADC input Mixer --> ADCL
MIC2P --> RADCsriput Mixer --> ADCR
eRCE A ik HfE
Lineout volume lineout ¥ 81X & 0--31, &7~ -43.5--0dB
ADC input gain control ADC ¢ #1 0--7, &7~ -4.5--6dB
HP_L Mux HP L Mux % & 0:DACL HPL Switch;
I:MIXER L Switch
HP R Mux HP R Mux % & 0:DACR HPR Switch;

I:MIXER R Switch
LADC input Mixer MIC1 boost ~LADC input Mixer % &, 1# & 0: XHl; 1: It B

Switch MICI & &
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LADC input Mixer MIC2 boost ~ LADC input Mixer %X &, & 0: xH; 1: FF B
Switch MIC?2 i#
LADC input Mixer 1_output LADC input Mixer % &, f##¢ 0: XW; 1: FF B
mixer Switch 1 output i #
LADC input Mixer r_output LADC input Mixer X &, f# & 0: < H; 1: FF B
mixer Switch r_output i #
Left Output Mixer DACL Left Output Mixer 1% &, £ & 0: xH; 1: FFE
Switch DACL i #
Left Output Mixer DACR Left Output Mixer %X &, & 0: X H; 1: FF B
Switch DACR &%
Left Output Mixer Left Qutput Mixer %8, f# & 0: % ; 1: FF B
MIC1Booststage Switch MIC1 i# %
Left Output Mixer Left Output Mixer X &, & 0: XM 1: I B
MIC2Booststage Switch MIC?2 & %
MIC1 boost AMP gain control MIC1 # 3 0--7, 0:0dB, 1~7:24--42dB,
3dB/step
MIC1_G boost stage output MICI to L or R output Mixer # 1  0--7, &~ -4.5--6dB
mixer control
MIC2 SRC MIC2 SRC % & 0:MIC3; 1:MIC2
MIC2 boost AMP gain control MIC2 # 25 0--7, 0:0dB, 1~7:24--42dB,
3dB/step
MIC2_G boost stage output MIC?2 to L or R output Mixer ¥ 1  0--7, &~ -4.5--6dB
mixer control
RADC input Mixer MICL-boost RADC input Mixer W&, 1¥ gt 0: < H; 1: FF B
Switch MIC1 # %
RADC input Mixer MIC2 boost RADC input Mixer 1% &, {##¢ 0: XW; 1: FF B
Switch MIC2 i %
RADC input Mixer 1_output RADC input Mixer %X &, f# 8 0: xH; 1: FF B
mixer Switch 1_output i #%
RADC input Mixer r_output RADC input Mixer % &, £ 0: XW; 1: FF B
mixer Switch r_output i %
Right Output Mixer DACL Right Output Mixer X &, #a  0: KXH; 1: FF B
Switch DACL i# %
SRR B TH, B K 112
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Right Output Mixer DACR Right Output Mixer & &, &  0: XW; 1: T B

Switch DACR # %

Right Output Mixer Right Output Mixer X &, g  0: XM 1: T B

MIC1Booststage Switch MIC1 # %

Right Output Mixer Right Output Mixer % &, &  0: XM 1: 7T &

MIC2Booststage Switch MIC2 i #

SPK_L Mux SPK L Mux X & 0:MIXER_L Switch; 1:MIXR
+MIXL

SPK_R Mux SPK_R Mux % & 0:MIXER_L Switch; 1:MIXR

digital volume

headphone volume

HFFERE
headphone & 1% &

+MIXL
0--63, &7~ -73.08--0dB
0--63,0 & 7~ mute; 1~63 &Ko~
-62dB--0dB

B3 E

1.

# it lineout % % :

amixer -D hw:audiocodec cset name='SPK L Mux' 1

amixer -D hw:audiocodec cset name='SPK_R Mux' 1

amixer -D hw:audiocodec cset name='Right:Qutput Mixer DACR Switch' 1
amixer -D hw:audiecodec cset name='Left’Output Mixer DACL-Switch' 1
amixer -D hwsaudiocodec cset name='digital volume' 6

2 B

N
S
my
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WA MIC1,MIC2 % % :
amixer -D hw:audiocodec cset name='"LADC input Mixer MIC1 boost Switch' 1

amixer -D hw:audiocodec cset name="RADC input Mixer MIC2 boost Switch' 1
amixer -D hw:audiocodec cset name="MIC2 SRC' 0

amixer -D hw:audiocodec cset name='"MIC1 boost AMP gain control' 4

amixer -D hw:audiocodec cset name='"MIC2 boost AMP gain control' 4

2.11.5 Daudio

BRI

— % 12S/PCM;

TEHEEAERX

¥ #F Left-justified,Right-justified,Standar mode 12S,PCM mode
X # i2s,pem TG A B B

3 # mono 7 stereo 1% X,

X # [ Bt palyback 7 record(2 W T R)

X 8~192KHz K %

X 16,24,32bit KK E

2.11.5.1 A E

\‘ N
D
Device Drivers --—>
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->

<*> Allwinner Digital Audio Support

2.11.5.2 sys_config it &

SRR B TH, B K 114
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[tdmO]

daudio used =0

daudio_master =4

daudio_select =1

audio_format =1

signal_inversion = 1

sample resolution = 16

slot_width_select = 16

pem_lrck period = 32

pem_lrckr period = 1

msb_Isb_first=0

sign_extend = 0

tx_data_ mode =0

rx_data_mode =0

;128 mclk = port:PB08<2><1><default><default>
i2s_bclk = port:PG11<2><1><default><default>
i2s_lrclk = port:RG10<2><1><default><default>
i2s_dout0 = pert:PG12<2><1><default><default>
i2s_doutl =

i2s dout2 =

i2s_dout3 =

i2s_din = port:PG13<2><1><default><default>

tdm0 2 & tdmO 2 & 1. B

daudio master 1: SND _SOC_DAIFMT CBM CFM(codec clk & FRM master), Bl daudio £
E 1€ 4 slave, codec 1E A master 2: SND SOC DAIFMT CBS CFM(codec
clk slave & FRM master), — % 1~ A 3:
SND SOC DAIFMT CBM CFS(codec clk master & frame slave), — #& 1~
4: SND SOC DAIFMT CBS_CFS(codec clk & FRM slave), BF daudio # &
1€ A master, codec {E 4 slave

daudio_select 0: ' pcm mode; 1::i2s mode

audio_format 1: SND_SOC_DAIFMT I2S(standard i2s format) 2:
SND_SOC DAIFMT RIGHT J(right justfied format) 3:
SND _SOC DAIFMT LEFT J(left justfied format) 4:
SND_SOC DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK rising
edge after LRC rising edge) 5: SND SOC _DAIFMT DSP_ B(pcm. MSB is
available on 1nd BCLK rising edge after LRC rising edge)

signal _inversion 1: SND SOC DAIFMT NB NF(normal bit clock + frame) 2:
SND SOC_DAIFMT NB_IF(normal BCLK + inv FRM) 3:
SND SOC DAIFMT IB_NF(invert BCLK + nor FRM) 4:
SND SOC DAIFMT IB_IF(invert BCLK + FRM)

SRR B TH, B K 115
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tdm0 2 & tdm0 #C & i A

sample_resolution K EEAE L, 16bit, 24bit,32bit

slot_width_select X ¥ 8bit, 16bit, 32bit 5. &

pem_Irck period F L E 16/32/64/128/256 /> belk

pem_Irckr period B L E 16/32/64/128/256 /> belk

msb_Isb_first 0: msb first; 1: Isb first

sign_extend 0: zero pending; 1: sign extend

tx_data mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
rx_data mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
i2s belk i2s belk 7|

i2s_lIrclk i2s_lrclk 7|

i2s_dout0 i2s_dout 5| f#

i2s_din i2s_din 5| i

2.11.6 A E F MM T =

PEHEBNBANZELHATER, TFHMRA 4

2.11.6.1 &K

Q
amixer -D hw: audlocodec cset name= SP@\L Mux' 1
amixer -D hw@dlocodec cset name=SPK R Mux' 1
amixer -D hw:audiocodec cset name='Lineout volume' 24
amixer -D hw:audiocodec cset name='Right Output Mixer DACR Switch' 1
amixer -D hw:audiocodec cset name='Left Output Mixer DACL Switch' 1
amixer -D hw:audiocodec cset name='digital volume' 0

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

EEEAR PES e DSOS

amixer -Dhw:audiocodec cset name='Lineout volume' 50

X RBRTH, BALT
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2.11.6.2 &

%~ 1% A audiocodec # 1T MIC1,MIC2 X &

amixer -D hw:audiocodec cset name='"LADC input Mixer MIC1 boost Switch' 1
amixer -D hw:audiocodec cset name="RADC input Mixer MIC2 boost Switch' 1
amixer -D hw:audiocodec cset name='"MIC1 boost AMP gain control' 4

amixer -D hw:audiocodec cset name="MIC2 SRC' 0

amixer -D hw:audiocodec cset name='"MIC2 boost AMP gain control' 4

arecord -Dhw:audiocodec -f S16_LE -r 16000 -c 2 /tmp/test.wav

2.12R311 HH O

2.12.1 B R

R311 ®4 4 ANF IR, 272 W E audiocodec,daudio0,daudiol,dmic.

T 1 1 1

Codec| Daudig® Daudiol Dmi¢
A
" I b
Mic External Bluetoot Mic
Speaker Codec h Array

Kl 28: R311 & 5 A2 1 AE [
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R311 &, 4 & HAER BB 2P R 5k B pll_audio
pll_audio F] DA% 24.576M B # 22.5792M By AT 48, 77| X FF 48k 2%, 441k ZH|EH K F .

pll_audio

|
v v Y v

codec_Lx i2s0 clock i2s1 clock dmic clock
clock Q
Y L] L ] L ]
audiocodec daudioO i2s1 clock dmic

& 29: R311 B 4B

2.12.3 AL 4 44

linux-4.9/sound/socfsunxi/ 62:\\\
— sunSiw§-codec.c // codec RFAES
|—— sunSiQ\TS-codec.h

|—— sun8iwl15-sndcodec.c // codec machine3r 5

F—— sunxi-inter-i2s.c // codec platform ¥ 3

|—— sunxi-inter-i2s.h

F—— sunxi-daudio.c / daudio platform %

|—— sunxi-daudio.h

F—— sunxi-dmic.c // dmic platform ¥ 5

F— sunxi-dmic.h

F—— sunxi-pem.c // 3 I X tE, # #E0E Mplatform BB #9 8 0 KA % @K %
|—— sunxi-pcm.h

F——sunxi_rw_func.c /& f X8, &5 EM/K T EHFENED
I—— sunxi_rw_func.h

F—— sunxi-snddaudio.c // daudio machine 3 5

SRR B TH, B K 118
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I—— sunxi-snddaudio.h
F—— sunxi-snddmic.c // dmic machine 3 5
L—— sunxi-snddmic.h

linux-4.9/sound/soc/codecs/dmic.c // dmic codec X 5]
linux-4.9/sound/soc/soc-utils.c // daudio codec¥% 7]

2.12.4 Audiocodec

BRI

7 % DAC

— X FF 16bit,24bit KA E
— X # 8KHz~192KHz R # %

—# ADC

— X # 16bit,24bit R AR F
— ¥ ¥ SKHz~48KHz X H %

— B AW — % LK & headphone % it (HPL, HPR)
Z BN N . MIC2,MIC3,LINEINR

3 #F [ B playback #7 record(2 M T R)

DAC % ADC ¥ X #F 5 Bt DRC

DAC FIFO K /& 128*24bits, ADC FIFO K & 64*24bits
X FEFR A0

2.124.1 NERE

Device Drivers --->
<*> Sound card support --->

<*> Advanced Linux Sound Architecture --->

SRR B TH, B K
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<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner Sun8iw15 Codec Support

2.12.4.2 sys_config it &

[sndcodec]

sndcodec used = 0x1
aif2fmt = 0x3

aif3fmt = 0x3
aif2master = 0x.l

hp detect_case’= 0x0

[i2s]
i2s used = 0x1

[codec]

codec_used = 0x1
headphonevol = 0x2f
maingain = 0x4
headsetmicgain = 0x4
adcage_cfg = 0x0
adcdrc_cfg = 0x0
adchpf cfg = 0x0
dacdre_cfg = 0x0
dachpf cfg = 0x0
aif2config = 0x0
aif3config = 0x0
gpio-spk =

sndcodec B2 &, BN machine 3% 3 #y A8 X Bl &

sndcodec fit & sndcodec Bt & 1t A
sndcodec used & & F sndcodec Bz, 0: AEH; 1: A
aif2fmt 1: SND SOC DAIFMT I2S(standard i2s format) 2:

SND SOC DAIFMT RIGHT J(right justfied format) 3:

SND SOC DAIFMT LEFT J(left justfied format) 4:

SND_SOC DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK rising edge
after LRC rising edge) 5: SND _SOC DAIFMT DSP B(pcm. MSB is available
on Ind BCLK rising edge after LRC rising edge)

2R B TH, BALT 120
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sndcodec it &

sndcodec . & 1. BH

aif3fimt

aif2master

hp detect case

1: SND_SOC _DAIFMT I2S(standard i2s format) 2:

SND SOC DAIFMT RIGHT J(right justfied format) 3:

SND SOC DAIFMT LEFT J(left justfied format) 4:

SND_SOC DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK rising edge
after LRC rising edge) 5: SND_SOC DAIFMT DSP B(pcm. MSB is available
on 1nd BCLK rising edge after LRC rising edge)

1: SND_SOC_DAIFMT CBM_CFM(codec clk & FRM master), B aif 3 [ 1% £
master £ 3, 4: SND _SOC_DAIFMT CBS_CFS(codec clk & FRM slave), B} aif
¥ 0 %4 slave 3

jack irg level, 0:low; 1zhigh

i2s Bt &, BN audiocodec platform Xz /948 < B2 &, 0 aif £ B Al #Y 12s(5 1250,i2s1 £ H LX)

i2s B &

i2s Bt & %

i2s_used

AGER 2s Bafo 0: FAEH; 1: FEA

codec i &, BN A & audiocodec X 51 4 AH < g &

codec ft & codec Bt & 1.7

codec_used & & F ] codec Bz, 0: TEH; 1: A

headphonevol 4146 . headphone volume, [ % = 3 B 0~0x3f, & 7~ 0~-62dB, -1dB/step

headsetmicgain 45 #J & MIC2 ¥ 3, ¥ % = 3 B 0~0x7, 0:0dB, 1~7:15~33dB, 3dBistep, — #t % &
0x4, B 24dB

adcinputgain adc ¥ 75, % E ik B 0~0x7, k7~ -4.5~6dB, 1.5dB/step, — X % & 0x3, Ef 0dB

adcagc_cfg A& &% F adcage. 0: ~EF; 1: A

adcdre cfg & &% A adedre. 0: MER; 1: EA

adchpf cfg & &% A adchpf. 0: & F; 1: f&

dacdrc_cfg & &% A dacdre. 0: NMER; 1: £A

aif2config = T E A aif2. 0: ~MEH; 1: # A

aif3config & & F A aif3. 0: NMEA; 1 #EA

gpio-spk PA £ a2 5| i
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EREI:

o 0 R B E IF % /v & audiocodec 7 F, F # 1 codec,platform,machine ¥ z #F # £, BF
codec used,i2s_used,sndcodec used #f & ¥ 1;

e headphonevol,headsetmicgain 4 & £ W A7 46 (L o9 B2 % B, ¥\ R % 53 7] LA 3¢ amixer T
LA R HEAT BB

o I & gpio-spk £ G E F#, £&HEMERE R T Z gpio;

2.12.4.3 codec 33 %

~,  [DRez2CCI1:10]
DRez2a415:4] |
o 5345[15-4 [Ep—

-k
el W W
DRegHC[1512]
DReg4C{1L3]
DRez4C 7 6] E
DRegC[37] T
L

o
1]
i

DReg300715]

ARsg0A[l]  AReg00[50]
S lpacy | AReslalz HPOUTL
YT
el 14 ARaz0A[l]  AR=z00[6:0]
5 = ARe£02(5 DACE |, ARSgDAL3 o
o U __‘§_t>_m1_,
* o MEE
fo-ARe0815:4)
ARem0T[6:4]
ARezIF[6]

E 30: R311 & 438 &
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-
AIFIDACL —> AIF1INOL Mux —> DACL Mixer --> HP_L Mux --> HPOUTL > Headphone
ATFIDACR —> ATF1INOR Mux > DACR Mixer —> HP_R Mux —> HPOUTR --> Headphone
xF
MIC2 --> MIC2 SRC --> MIC2 PGA --> RADC input Mixer --> AIF] ADOR Mixer > AIFIOUTOL Mux --> AIFIADCL
MIC2 —> MIC2 SRC --> MIC2 PGA --> RADC input Mixer --> AIF] ADOR Mixer - AIFIOUTOR Mux —> AIFIADCR
R311 frA - an T
/\\ Lt NS f
LW o7 &E. HE
Headphone Switch 1# g% Headphone 0: < H; 1: 7B
ADC input'gain control ADCH 31 0--7, &7~ -4.5--6dB, B &
NI O PR
T EEEER ]

ADC volume

12S HUB FUNC

AIF1 ADOL Mixer AIF1 DAOL
Switch

AIF1 ADOL Mixer AIF2 DACL
Switch

AIF1 ADOL Mixer AIF2 DAER
Switch

AIF1 ADOR Mixer ADCR
Switch

AIF1 ADOR Mixer AIF1 DAOR
Switch

AIF1 ADOR Mixer AIF2 DACL
Switch

AIF1 ADOR Mixer AIF2 DACR
Switch

AIF1 ADIL Mixer AIF2 DACL
Switch

ADC 7 /% i 3 &

el

¢ & hub 2 &

AIF1 ADOL Mixer % &,
DAOL 3 %

AIF1 ADOL Mixer % &,
DACL i #%

AIF1 ADOL Mixer % &
DACR i %

AIF1 ADOR Mixer % &,
W %

AIF1 ADOR Mixer % &,
DAOR i %

AIF1 ADOR Mixer % &,
DACL i# %

AIF1 ADOR Mixer % &,
DACR # %

AIF1 ADIL Mixer % &,
DACL i# %

# & AIF1

# 88 AIF2

£ 8 AIF2

f# 8¢ ADCR

(&N

& &6 AIF2

& 88 AIF2

1# ¢ AIF2

0--0xff, 0 &~ mute,

0x 1~0xff & 7~
-119.25dB~71.25dB,
0.75dB/step, 21 0xA0 &~
0dB

0: X H; 1: T /B

0: X W 1: FF g

0: XW; 1: FF B

0: X H; 1: 78
0: KXW 1: 7T /B
0: X W; 1: FF jB
0: KXW 1: T B
0: K Hl; 1: T /B

il

=)

DKWL

X RBRTH, BALT
Copyright © 2019 Allwinner Technelogy. All rights reserved.

123



Auwiner
C B

T4 T & @
AIF1 ADIR Mixer ADCR AIF1 ADIR Mixer % &, & ADCR 0: XH; 1: Fr B
Switch 1 B
AIF1 ADIR Mixer AIF2 DACR  AIF1 ADIR Mixer % &, 8 AIF2  0: % }; 1: 7T B
Switch DACR # %
AIF1 ADC timeslot 0 mixer gain AIF1 ADCOL/ADCOR Mixer, 4t 3  0:0dB; 1:-6dB; *f T
£l ADCOL Mixer, bit0:AIF2

DACR; bitl: & & fi;
bit2:AIF2 DACL;
bit3:AIF2 DAOL; *f T
ADCOR Mixer, bit0:AIF2
DACL; bitl:ADCR;
bit2:AIF2 DACR;
bit3:AIF2 DAOR;

AIF1 ADC timeslot 0 volume AIF1 ADCOL/ADCOR & &1k & 0--0xff, 0 & 7~ mute,
0x 1~0xff & 7~
-119.25dB~71.25dB,
0.75dB/step, 21 0xA0 &~
0dB

AIF1 ADC timeslot 1 mixer gain AIF1 ADCIL/ADCIR Mixer, # 7%  0:0dB; 1:-6dB; %f T

# ADCIL Mixer, bit0: 1% &

fi; bitl:AIF2 DACL; *t F
ADCIR Micxer,
bit0:ADCR; bitl:AIF2
DACR;

AIF1 ADC timeslot 1 volume AIF1 ADCIL/ADCIR & &% & 0--0xff, 0 & 7~ mute,
0x 1~0xff % 7~
-119.25dB~71.25dB,
0.75dB/step, 27 0xA0 & 7~
0dB

AIF1 DAC timeslot 0 volume AIF1 DACOL/DACOR & &% & 0--0xff, 0 & 7~ mute,
0x 1~0xff &~
-119.25dB~71.25dB,
0.75dB/step, 21 0xA0 &~
0dB
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P50 4 7

71 fE

B

AIF1 DAC timeslot 1 volume

AIF1INOL Mux

AIF1INOR Mux

AIF1IN1L Mux

AIF1IN1R-Mux

AIF1 DACIL/DACIR ¥ 818 &

AIF1INOL Mux % &

AIF1INOR Mux % &

AIF1INIL Mux 1% &

AIF1INIR Mux % &

0--0xff, 0 & 7~ mute,
0x 1~0xff & 7~
-119.25dB~71.25dB,

0.75dB/step, 21 0xA0 &~

0dB

0:AIF1_DAOL;
1:AIF1_DAOR;
2:AIF1_DAOL
+AIF1_DAOR;
3:AIF1_DAOL
+AIF1_DAOR #-F#&
0:AIF1_DAOR;

1:AIF1 DAOL;
2:AIF1_DAOL
+AIF1_DAOR;
3:AIF1_DAOL
+AIF1_DAOR ¥ #1&
0:AIF1 _DAIL;
1:AIF1_DAIR;
2:AIF1_DAIL
+AIF1_DAIR;
3:AIF1_DAIL
+AIF1_DAIR#F#1E
0:AIF1_DAIR;
1:AIF1_DAIL;
2:AIF1_DAIL
+AIF1_DAIR;
3:AIF1_DAIL
+AIF1_DAIR &9 #1&

SRR B TH, B K
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AIF1IOUTOL Mux

AIF10UTOR Mux

AIFIOUTIL Mux

AIFIOUTIR Mux

AIF2 ADC mixer gain

AIF1OUTOL Mux % &

AIF1OUTOR Mux % &

AIF1OUTIL Mux % &

AIF1IOUTIR Mux % &

AIF2 ADCL/ADCR Mixer, %% & # 35

0:AIF1_ADOL;
1:AIF1_ADOR;
2:AIF1_ADOL
+AIF1_ADOR;
3:AIF1_ADOL
+AIF1_ADOR # ¥ #1&
0:AIF1_ADOR;
1:AIF1_ADOL;
2:AIF1_ADOL

+AIF1 ADOR;
3:AIF1_ADOL
+AIF1_ADOR #-F 18
0:AIF1_ADIL;
1:AIF1_ADIR;
2:AIF1_ADIL
+AIF1_ADIR;
3:AIF1_ADIL
+AIF1_ADIR #F3#1E
0:AIF1_ADIR;
1:AIF1_ADIL;
2:AIF1_ADIL

+AIF1 ADIR;
3:AIF1_ADIE
+AIF1_ADIR #-F#1&
0:0dB; 1:-6dB; *t T
ADCIL Mixer, bit0: 1% &
fiL; bitl:AIF2 DACR;
bit2:AIF2 DACIL;
bit3:AIF2 DACOL; *f T
ADCIR Mixer,
bit0:ADCR; bitl:AIF2
DACL; bit2:AIF2 DACIR;
bit3:AIF2 DACOR;
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B4 I &t HE
AIF2 ADC volume AIF2 ADCL/ADCR ¥ &% & 0--0xff, 0 & 7~ mute,

0x 1~0xff & 7~
-119.25dB~71.25dB,
0.75dB/step, 21 0xA0 &~

0dB

AIF2 ADL Mixer AIF1 DAOL  AIF2 ADL Mixer % &, 1# & AIF1 0: X H; 1: 7r /8

Switch DAOL i %

AIF2 ADL Mixer AIF1 DAIL  AIF2 ADL Mixer ¥ &, & AIF1 0: X H; 1: 7 B

Switch DAIL i# %

AIF2 ADL Mixer AIF2 DACR  AIF2 ADE Mixer #% & , % ¢ AIF2 0: X Hl; 1: TR

Switch DACR i %

AIF2 ADR Mixer ADCR Switch AIF2 ADR Mixer #% &, f# & ADCR 0: % [; 1: 7T B

W %

AIF2 ADR Mixer AIF1 DAOR  AIF2 ADR Mixer X &, &t AIF1 0: X Hl; 1: 7F /B

Switch DAOR i %

AIF2 ADR Mixer AIF1 DAIR  AIF2 ADR Mixer % &, f##¢ AIFI 0: AH; 1: FF B

Switch DAIR i# %

AIF2 ADR Mixer AIF2 DACL  AIF2 ADR Mixer % &, 1 &t AIF2 0: X H; 1: 7F /B

Switch DACL i %

AIF2 DAC volume AIF2 DACL/DACR ¥ % & 0--0xff, 0 & °~ mute,
0x 1~0xff %7~
-119.25dB~71.25dB,
0.75dB/step, #F 0xA0 &~
0dB

AIF2INL Mux AIF2INL Mux #% & 0:AIF2 DACL;
1:AIF2 DACR;
2:AIF2 DACL
+AIF2 DACR;
3:AIF2 DACL
+AIF2 DACR #-F 314

AIF2INL Mux VIR switch & &8 aif3 -> aif2 & % 0: KXW 1: 7T B

aif2inl aif3

AIF2INL Mux switch aif2inl & 8¢ aif2 -> aif2 B 0: XxH; 1: IF /B

aif2

A BB A, ZRLR 127
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P50 4 7

71 fE

B

AIF2INR Mux

AIF2INR Mux VIR switch
aif2inl aif3

AIF2INR Mux switch aif2inl
aif2

AIF20UTL Mux

AIF20UTR Mux

AIF30UT Mux

DAC mixer gain

AIF2INR Mux % &

# 86 aif3 > aif2 @ %

F 88 aif2 > aif2 B &

AIF20UTL Mux % &

AIF20UTR Mux % &

AIF30UT Mux % &

DAC mixer ¥ 3%

0:AIF2 DACR;
1:AIF2_DACL;
2:AIF2_ DACL
+AIF2_DACR;
3:AIF2_ DACL
+AIF2_DACR #-F # 14
0: xW; 1: FF B

0: % H; 1: FF B

0:AIF2 ADCL;
1:AIF2_ADCR;
2:AIF2_ADCL

+AIF2 _ADCR;
3:AIF2_ADCL
+AIF2_ADCR #7-F31&
0:AIF2_ADCR;
1:AIF2_ADCL;
2:AIF2_ADCL

+AIF2 ADCR,;
3:AIF2_ADCL
+AIF2_ADCR #-F ¥ 1&
0:NULL;
1:AIF2_ADC Left Channel,
2:AIF2_ADC Right Channel
0:0dB; 1:-6dB; *f T
DACL Mixer, bit0: {7 &
fiL; bitl:AIF2 DACL;
bit2:AIF1 DACIL;
bit3:AIF1 DACOL; *f T
DACR Mixer, bit0:ADCR;
bitl:AIF2 DACR;
bit2:AIF1 DACIR;
bit3:AIF1 DACOR;

SRR B TH, B K
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LA e

B

DAC volume DACL/DACR ¥ &% & 0--0xff, 0 & 7~ mute,
0x 1~0xff & 7~
-119.25dB~71.25dB,
0.75dB/step, 21 0xA0 &~
0dB

DACL Mixer AIFIDAOL DACL Mixer % &, f£ & AIF1 DAOL 0: % H; 1: 7 &2

Switch i B

DACL Mixer AIF1IDAIL DACL Mixer % &, f£ & AIF1 DAIL 0: %X H; 1: 7 2

Switch i

DACL Mixer- AIF2DACL DACL Mixer % &, {# & AIF2 DACL.<0: * []; 1: roE

Switch 1 B

DACR Mixer ADCR Switch DACR Mixer % &, {4 ADCR #% 0: < [; 1: FF 2

DACR Mixer AIFIDAOR DACR Mixer X &, f£f AIF1 DAOR 0: % [; 1: Fr 2

Switch i %

DACR Mixer AIFIDAIR DACR Mixer % &, £ AIF1 DAIR 0: %[; 1: FF &

Switch i B

DACR Mixer AIF2DACR DACR Mixer X &, {£ &8 AIF2 0: X H; 1: JF /8

Switch DACR i# #%

HP L Mux HP L Mux % & 0:DACL_HPL_Switch;
1:LOMixer HPL Switch

HP R Mux HP R Mux % & 0:DACR_HPR_Switch;

LINEINL/R te'LL_R output
mixer gain

Left Output Mixer DACL
Switch

Left Output Mixer DACR
Switch

Left Output Mixer
MIC2Booststage Switch
MIC2 BST stage to L R outp
mixer gain

MIC2 SRC

MIC2 boost AMP gain control

LINEINR:to R output mixer 3¥ #1

Left Output Mixer 1% &, f# # DACL
S

Left Output Mixer 1% &, 1# & DACR
1 B

Left Output Mixer % &, % & MIC2
S

MIC?2 to L or R output Mixer ¥ i1

MIC2 SRC Mux % &
MIC2 # 35

1:ROMixer HPR_ Switch
0--7, &% -4:5--6dB

0: X H; 1: T )5
0: XW; 1: B
0: xH; 1: FF B
0--7, &7 -4.5--6dB

0:MIC3; 1:MIC2
0--7, 0:0dB, 1~7:15--33dB

SRR B TH, B K
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A4 AR & #HME
RADC input Mixer LINEINR ~ RADC input Mixer % &, {F & 0: % H; 1: FF B
Switch LINEINR 3 %

RADC input Mixer MIC2 boost RADC input Mixer % &, & MIC2 0: X H; 1: FF B
Switch i %

RADC input Mixer 1_output RADC input Mixer X &, £ & left 0: XW; 1: B

mixer Switch output mixer i %

RADC input Mixer r_output RADC input Mixer X &, #& right 0: X ; 1: 7T B

mixer Switch output mixer i %

Right Output Mixer DACL Right output Mixer % &, & DACL 0: x{; 1: 7T B

Switch SRS

Right Output Mixer DACR Rightoutput Mixer % &, ¥ DACR 0: %X [A; 1o B

Switch S

Right Output Mixer LINEINR  Right output Mixer 1% &, # 0: X H; 1: FF B

Switch LINEINR & 5%

Right Output Mixer Right output Mixer %X &, £ MIC2 0: X [; 1: FF B
MIC2Booststage Switch i

Speaker Switch Speaker 7 % 0: XW; 1: FF B

digital volume BFEERE 0--63, & 7% -73.08--0dB
headphone volume headphone & € X & 0--63,0 & 7~ mute; 1~63

* %~ -62dB--0dB

R E AR 1. F RS

if 3T headphone E- L # # :

amixer -Dhw:audiocodec cset name='AIF1INOL Mux' 'AIF1 _DAOL';
amixer -Dhw:audiocodec cset name='AIF1INOR Mux' 'AIF1_DAOR';
amixer -Dhw:audiocodec cset name="DACL Mixer AIF1DAOL Switch' 1;
amixer -Dhw:audiocodec cset name="DACR Mixer AIF1IDAOR Switch' 1;
amixer -Dhw:audiocodec cset name="HP_L Mux' 'DACL HPL Switch';
amixer -Dhw:audiocodec cset name="HP_R Mux' 'DACR HPR Switch';
amixer -Dhw:audiocodec cset name="Headphone Switch' 1;

& A BOAET A, RARAE T 130
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I EHMIC2E &

amixer -Dhw:audiocodec cset name="RADC input Mixer MIC2 boost Switch' 1
amixer -Dhw:audiocodec cset name='AIF1 ADOR Mixer ADCR Switch' 1
amixer -Dhw:audiocodec cset name='AIF1 ADIR Mixer ADCR Switch' 1
amixer -Dhw:audiocodec cset name="AIF1OUTOL Mux' 'AIF1_ADOL'

amixer -Dhw:audiocodec cset name='AIF1IOUTOR Mux' 'AIF1_ADOR'

amixer -Dhw:audiocodec cset name="MIC2 boost AMP gain control' 4

TEWEK KT EERR AIFL # 0, T AIF2 £ % T1& F81% AIF3 £ % T 1 Ti#1E,
XREE L AT EIEFR, X ETENE,

2.12.5 Daudio

BRI

o W% I2S/PCM, Tl Al TR T &, EFEXE, KFAHK;

o XFENER

e ¥ ¥ Left-justified,Right-justified,Standar mode 12S,PCM mode
o X ¥ i2s,pem TN & A B

e ¥ mono 1 stereo £, T L 8 HH

o X #F [ B palyback 7 record(2 M LK)

o X FF 8~192KHz X ## %

o XH 16,24,32bit XEEAGE

o I 28 MCLK #i

2.12.5.1 NI E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->

SRR B TH, B K 131
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Allwinner SoC Audio support --->

<*> Allwinner Digital Audio Support

2.12.5.2 sys_config fit &

[snddaudio0]
snddaudio0 used = 1

[daudio0]
daudio0 used =1
daudio_master =4

0

72
7

tdm_config = R
mclk div=1
audio_format = 1
signal_inversion = 1
pem_lrck period = 32
;msb _Isb first=10
slot_width_select = 32
frametype = 1

;tx_data mode =1
;rx_data_mode = 1
daudio_regulator =

snddaudio0 #2 &, EF daudio0 machine X 5/ i #H < it &

snddaudio 2 & snddaudio 2 & ¥ B4
snddaudio0_used & % £ Flosnddaudio B & 0: A0 1: A

daudio0 B2 &, BN daudioO platform IR 5 B #8 < BL &

daudio i & daudio T & 1% B4
daudio0 used & &% fl daudio 5. 0: AFERA; 1: #H
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daudio It &

daudio . & . BH

daudio master

audio format

signal inversion

slot width_select
pcm_lrck period
msb_Isb_first
sign_extend
frametype

mclk div

tdm_config
tx_data_mode
rx_data mode
daudio regulator

1: SND SOC DAIFMT CBM_CFM(codec clk & FRM master), Ef
daudio # & 1E ¥ slave, codec 1€ % master 2:

SND SOC DAIFMT CBS CFM(codec clk slave & FRM master), —
# A F 3: SND_SOC_DAIFMT_CBM_CFS(codec clk master &
frame slave), —#% 1 4: SND _SOC_DAIFMT CBS_CFS(codec clk
& FRM slave), B daudio # I {E 7 master, codec 1E 7 slave

1: SND_SOC _DAIFMT I2S(standard i2s format) 2:

SND SOC DAIFMT RIGHT J(right justfied format) 3:

SND _SOC DAIFMT LEFT J(left justfied format) 4:

SND SOC:DAIFMT DSP A(pcm. MSB'is available on:2nd BCLK
rising edge after LRC rising edge) 5:

SND SOC DAIFMT DSP B(pcm. MSB is available on 1nd BCLK
rising edge after LRC rising edge)

1: SND SOC DAIFMT NB NF(normal bit clock + frame) 2:

SND SOC DAIFMT NB_IF(normal BCLK + inv FRM) 3:
SND_SOC DAIFMT IB NF(invert BCLK + nor FRM) 4:
SND_SOC DAIFMT IB _IF(invert BCLK + FRM)

X # 8bit, 16bit, 32bit 7 &

— AT B & 16/32/64/128/256 /1 belk

0: msb first; 1: Isb first

0: zero pending; 1: sign extend

0: short frame = 1 clock width; 1: long frame = 2 clock width

0: not output(normal setting this);
1/2/4/6/8/12/16/24/32/48/64/96/128/176/192: % 4} #fi-codec 2 i 4,
M #E 72 pll_audio/mclk_div

0: pcm mode; 1: i2s mode

0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law

0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
daudio ft R B E

EREI:

e daudio machine T 5 W B & (snddaudio), — it & 1t 1 F ZEL & codec name P X codec dai name

2 ER BT, BRLR 133
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1. #l#4r daudio0 £ 7 AC108 1€ # 44 codec:

[snddaudio0]
snddaudio0_used = 1
sunxi,snddaudio-codec = "ac108.1-003b";

sunxi,snddaudio-codec-dai = "ac108-pcm0";

[daudio0]

daudio0_used = 1

slot width_select = 32

pem_lrck period = 128

msb_Isb_first=0

sign_extend = 0

frametype = 0

mclk_div=1

tdm_config=1 &Q
tx_data mode =0 '\
rx_data_mode = 0

ERLHEE ScodecR o) + BLE By &M — 2, #maclO8¥Rz, HKiE:
linux-4.9/sound/soc/codecs/ac108.c
RAZ #snd_soc_register_codeciE M codecd® 5, # # codec device name 4 ac108.1-003b,codec dai name %7 ac108-pem0

2. | daudio2 5 bluetooth 1% 20 #H # (& H L [F# codec F5f), A2 X B f& codec name, codec dai
name % Z B & % dummy codec, ¥ ML 40 THE & :

[snddaudiol]

snddaudiol used =1

sunxi,snddaudio-codec = "snd—soc—dumr@l‘

sunxi,snddm@o-codec-dai = "snd-socil?ﬁmmy-dai"
O

N\

A 3R 7 o f# ATsnddaudio-codec® F Bt B, I W i £ 9 B % U % BR A codec""snd-soc-dummy",
T LL4n % sunxi,snddaudio-codec A7 sunxi,snddaudio-codec-dai 1~ Bt & , =k # B2 & A = #y B &,

I B A A dummy codec:

[snddaudiol]

snddaudiol used =1

e

[snddaudiol]

snddaudiol used =1
sunxi,snddaudio-codec =

X RBRTH, BALT 134
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sunxi,snddaudio-codec-dai =
daudio_master = 1
audio_format =15

signal inversion =2

2.12.6 Dmic

R
o U8

o ¥ ¥ 8 48KHz ¥ H R
o F Fr 16/24bit FHHE E

2.12.6.1 A E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner DMIC Support

2.12.6.2 sys_config fit. &

B & 4 T

[dmic]
dmic_used =0
[snddmic]

snddmic_used =0

dmic BL. &, B[ platform IX 3/ #4 48 % Bt &
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dmic Bt & dmic B & 1t 9
dmic_used & & A dmic Bz, 0: AFEH; 1. FA

snddmic B2 &, BV machine Wz =&

snddmic Bt & snddmic . & 1t B
snddmic_used & G A snddmic Bz, 0: AER; 1. FEA

e sys config ¥ 17 Z I & codec T4 K15 &

& 4 machine X 54 X 55 & Br I\ B & T "dmic-codec" 1E & codec X 5, X 45 B4 1% .

linux-4.9/sound/soc/codecs/dmic.c

2.12.7 #F 2 F IR ik

REHE BN BEAE ST BREIR S 4

2.12.7.1 #

amixer -Dhw:audiocodec cset name='AIF1INOL Mux' 'AIF1_DAOL'";
amixer -Dhw:audiocodec cset name='AIF1INOR Mux' 'AIF1_DAOR';
amixer -Dhw:audiocodec cset name="DACL Mixer AIFIDAOL Switch' 1;
amixer -Dhw:audiocodec cset name="DACR Mixer AIF1DAOR Switch' 1;
amixer -Dhw:audiocodec cset name="HP_L Mux' 'DACL HPL Switch' ;
amixer -Dhw:audiocodec cset name="HP_R Mux' 'DACR HPR Switch';
amixer -Dhw:audiocodec cset name="Headphone Switch' 1;

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

T TE A B L HERE B
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[ amixer -Dhw:audiocodec cset name="headphone volume' 50

2.13 MR133 ¥ 0

2.13.1 KR

MR133 &4 4 M FHESE, 752N E audiocodec,daudio0,daudiol ,dmic.

T 1 1.1

Codec Daudio0 Daudiol Dmic
A
" I P
Mic External Bluetoot Mic
Speaker Codec h Array

Kl 31: MR133 & 37 #4442 &

2.13.2 BT 40 IR

MR133 ®, 4 /~F AL R B 40072 & B pll_audio
pll_audio F] DA% 24.576M B & 22.5792M By i 48, 7| 48k A%, 441k AY|EH K F .
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pll_audio

|
v v Y v

codec_1x

i2s0 clock i2s1 clock dmic clock
clock

Y |

audiocodec daudio0 i2s1 clock dmic

&l 32: MR133 &4 JE

2.13.3 R AL 45 14

linux-4.9/sound/soc/sunxi/

I-— sun8iw15-codec.c // codecEX 7

I—— sun8iwl5-codec.h

F—— sun8iwl15-sndcodec.c // codec machine® 5
I—— sunxi-inter-i2s.c // codec platform3% z

I—— sunxi-inter-i2s.h

F—— sunxi-daudio.c // daudio platform ™7/

I—— sunxi-daudio.h

F—— sunxi-dmic.c // dmic platform 2

|—— sunxi-dmic.h. (\\

—— sunxi-peme/ 8 il X, 42 4 @M platform 35 2 #178 BORAB % B #f5
|—— sunxi-@ﬁ\}n.h

F—sunxi_rw_func.c /B X, EEENWKFTFEREED

|—— sunxi_rw_func.h

F—— sunxi-snddaudio.c // daudio machine 3 5

|—— sunxi-snddaudio.h

F—— sunxi-snddmic.c // dmic machine 38 5

L—— sunxi-snddmic.h

linux-4.9/sound/soc/codecs/dmic.c // dmic codecEX 7
linux-4.9/sound/soc/soc-utils.c // daudio codec3F 5]

2 SRR, BNL R
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2.13.4 Audiocodec

B AR

# % DAC

— X ¥ 16bit,24bit FHEHE E
_ ¥ 8KHz~192KHz F £ %

— % ADC

— X % 16bit,24bit R M E
— X # 8KHz~48KHz K # %

— B H: —® 1k F headphone #r i (HPL, HPR)
= BAERH N MIC2,MIC3,LINEINR

X # [A] Bf playback 7 record(2 W T )

DAC % ADC ¥ % # 5 & DRC

DAC FIFO K & 128+*24bits, ADC FIFO K E 64*24bits
X EE AR AN

2.134.1 HERE

Device Drivers --->
<*> Sound card'support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner Sun8iw15 Codec Support

2.13.4.2 sys_config fit. &

X RBRTH, BALT
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[sndcodec]

sndcodec used = 0x1
aif2fmt = 0x3

aif3fmt = 0x3
aif2master = 0x 1

hp detect _case = 0x0

[i2s]
i2s_used = 0x1

[codec]

codec_used = 0x1
headphonevol = 0x2f
maingain = 0x4
headsetmicgain = 0x4
adcage cfg = 0x0
adcdrc_cfg = 0x0
adchpf cfg =0x0
dacdre_cfg = 0x0
dachpf cfg = 0x0
aif2config = 0x0
aif3config = 0x0
gpio-spk =

sndcodec it &, EF machine I 54 #4 48 % it &

sndcodec fit. &

sndcodec Bt & i, BH

sndcodec_used
aif2fmt

aif3fmt

£ G4l sndeodec Bz, 0: F~EA; 1: FA

1: SND SOC DAIFMT I2S(standard i2s format) 2:

SND_SOC DAIFMT RIGHT IJ(right justfied format) 3:

SND_SOC DAIFMT¢LEFT J(left justfied format) 4:

SND SOC DAIEMT DSP_A(pcm. MSB is available on 2nd BCLK rising edge
after LRC rising edge) 5: SND_SOC DAIFMT DSP B(pcm. MSB is available
on 1nd BCLK rising edge after LRC rising edge)

1: SND_SOC _DAIFMT I2S(standard i2s format) 2:

SND SOC DAIFMT RIGHT J(right justfied format) 3:

SND_SOC DAIFMT LEFT J(left justfied format) 4:

SND SOC DAIFMT DSP A(pcm. MSB is available on 2nd BCLK rising edge
after LRC rising edge) 5: SND_SOC DAIFMT DSP B(pcm. MSB is available
on 1nd BCLK rising edge after LRC rising edge)
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sndcodec it &

sndcodec . & 1. BH

aif2master

hp detect case

1: SND SOC DAIFMT CBM_CFM(codec clk & FRM master), Bl aif # 0 £
master £ 3, 4: SND SOC_DAIFMT CBS CFS(codec clk & FRM slave), Bl aif
0 slave R,

jack irq level, O:low; 1:high

i2s B &, BN audiocodec platform Xz /48 < B2 B, A aif £ & A #9 i2s(5 i2s0,i2s1 £ E T %)

2s It &

i2s BL & 1

i2s used

= EE A2 Bsh, 0 SR EF; 1 FHF

codec L &, BF N & audiocodec IR 5 Hy AH % BL &

codec L & codec B & it B

codec_used £ & 1EF codec Mz, 0: FFEF; 1: &/

headphonevol #1461 headphone volume, ¥ 7 3t Bl 0~0x3f, &~ 0~-62dB, -1dB/step

headsetmicgain FEH 2 MIC2 3 31, ¥ 1% & 3% E 0~0x7, 0:0dB, 1~7:15~33dB, 3dB/step, — X % &
0x4, Bf 24dB

adcinputgain adc 25, ¥ ¥ 9% Bl 0~0x7, &~ -4.5~6dB, 1.5dB/step, — % & 0x3, Ef 0dB

adcagc cfg & & 1% adcage. 0: ~EH; 1: #FHA

adcdre_cfg A& &% A adedre. 0: MER; 1: #FA

adchpf cfg A& & 1# Fleadchpf. 0: ~EA; 1: # A

dacdrc cfg & & E A dacdre. 0: REA; 1: A

aif2config =G ER aif2. 0: FEA; 1: FH

aif3config =G EHA aif3. 0: ~FEA; 1. FA

gpio-spk PA £ RET|

EREEI:

o tn R M E F ¥ fn# audiocodec & F, %F E ¥ codec,platform,machine X zj #F #& Lk, Ef
codec_used,i2s used,sndcodec used #E # 1;
e headphonevol,headsetmicgain % 18 & 7 IR 4] s L B B R 1X B, # O\ & 45 J5 74 7] DL 3T amixer T
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BT L AT KRB
o /& gpio-spk £ L EIF#, = THELMERE AT % gpio;
2.13.4.3 codec %0 E 18 %
APB, BB BT
‘
SYNC ‘
RIS TRTIII N
S M | e v
i) lat Slot i ettt
i
! o §[ o} [ow | o |
DReg22C[15:10]
DRez28C[11:8]
U ARep0AIS;
[ Prsgaagaisaor gﬁgﬁ%ﬂ ARep01[50] :ARzgl_-\:n] ,-\132200[5'0];
=iy L
nn:gzu[n-?]: DEEE A_?.ego;.%] E ARsg0A[l]  ARes00[S0]
il o L,
(o ARe8[64] T
ARes07[6:4]
AReglF[6:4]
A].33: MR133 & i B
£
AIFIDACL --> AIF1INOL Mux --> DACL Mixer --> HP_L Mux --> HPOUTL --> Headphone
AIF1DACR --> AIF1INOR Mux --> DACR Mixer --> HP_R Mux --> HPOUTR --> Headphone
£%
MIC2 --> MIC2 SRC --> MIC2 PGA --> RADC input Mixer --> AIF1 ADOR Mixer --> AIFIOUTOL Mux --> AIFIADCL
MIC2 --> MIC2 SRC --> MIC2 PGA --> RADC input Mixer --> AIF1 ADOR Mixer --> AIFIOUTOR Mux --> AIFIADCR
MRI133 fr A e T 3k
X RBRTH, BALT 142
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e 25
4R o /e HE
Headphone Switch 1# #¢ Headphone 0: xH; 1: FF B

ADC input gain control

ADC volume

12S HUB FUNC

AIF1 ADOL Mixer AIF1 DAQL
Switch

AIF1 ADOL Mixer AIF2 DACL
Switch

AIF1 ADOL Mixer AIF2 DACR
Switch

AIF1 ADOR Mixer ADCR
Switch

AIF1 ADOR Mixer AIF1 DAOR
Switch

AIF1 ADOR Mixer AIF2 DACL
Switch

AIF1 ADOR Mixer AIF2 DACR
Switch

AIF1 ADILE Mixer AIF2 DACL
Switch

AIF1 ADIR Mixer ADCR
Switch

AIF1 ADIR Mixer AIF2 DACR
Switch

ADC #2%

ADC A/ H#EE T &

£ & hub 3 &

AIF1 ADOL Mixer % &,
DAOL 3 %

AIF1 ADOL Mixer % &,
DACL i# %

AIF1 ADOL Mixer % &,
DACR i %

AIF1 ADOR Mixer % &,
i B

AIF1 ADOR Mixer % &,
DAOR i %

AIF1 ADOR Mixer % &,
DACL # %

AIF1 ADOR Mixer % &,
DACR %

AIF1.ADIL Mixer %% ,
DACL # %

AIF1 ADIR Mixer % &,
W %

AIF1 ADIR Mixer % &,
DACR il %

{# 88 AIF1

# & AIF2

£ 86 AIF2

f# 8¢ ADCR

& 8¢ AIF1

1# & AIF2

& §& AIF2

% 8 AIF2

f# 8¢ ADCR

8 AIF2

0--7, &% -4.5--6dB, £ 1k
TEHEEER 1

0--0xff, 0 & 7~ mute,
0x1~0xff &~
-119.25dB~71.25dB,
0.75dB/step, 21 0xA0 & 7~
0dB

0: X W; 1: FF B

0: X H; 1: T

0: xH; 1: FF B

0: % H; 1: FF B
0: xH; 1: FF B
0: XW; 1: FF B

7

)

DR ML

&

=)

D KW L
0: XW; Lo B
0: XW; 1: FF B

0: xH; 1: FF B

X RBRTH, BALT
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B4 T & A
AIF1 ADC timeslot 0 mixer gain AIF1 ADCOL/ADCOR Mixer, # 73  0:0dB; 1:-6dB; %f T
i ADCOL Mixer, bit0:AIF2

DACR; bitl: % & fi;
bit2:AIF2 DACL;
bit3:AIF2 DAOL; % T
ADCOR Mixer, bit0:AIF2
DACL; bitl:ADCR;
bit2:AIF2 DACR;
bit3:AIF2 DAOR;

AIF1 ADC timeslot 0 volume AIF1 ADCOL/ADCOR &% & 0--0xff, 0 % ;& mute,
0x 1~0xff & 7~
-119.25dB~71.25dB,
0.75dB/step, 41 0XA0 & 7~
0dB

AIF1 ADC timeslot 1 mixer gain AIF1 ADCIL/ADCIR Mixer, # F#  0:0dB; 1:-6dB; %t T

i ADCIL Mixer, bit0: /% &

{i; bitl:AIF2 DACL; %t T
ADCIR Micxer,
bit0: ADCR; bit1:AIF2
DACR;

AIF1 ADC timeslot 1 volume AIF1 ADCIL/ADCIR & &% & 0--0xff, 0 & 7~ mute,
0x 1~0xff % 7~
-119.25dB~71:25dB,
0.75dB/step, 21 0xA0 &~
0dB

AIF1 DAC timeslot 0 volume AIF1 DACOL/DACOR ¥ &% & 0--0xff, 0 & 7~ mute,
0x 1~0xff & 7~
-119.25dB~71.25dB,
0.75dB/step, %1 0XA0 %7
0dB
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P50 4 7

71 fE

B

AIF1 DAC timeslot 1 volume

AIF1INOL Mux

AIF1INOR Mux

AIF1IN1L Mux

AIF1IN1R-Mux

AIF1 DACIL/DACIR ¥ 818 &

AIF1INOL Mux % &

AIF1INOR Mux % &

AIF1INIL Mux 1% &

AIF1INIR Mux % &

0--0xff, 0 & 7~ mute,
0x 1~0xff & 7~
-119.25dB~71.25dB,

0.75dB/step, 21 0xA0 &~

0dB

0:AIF1_DAOL;
1:AIF1_DAOR;
2:AIF1_DAOL
+AIF1_DAOR;
3:AIF1_DAOL
+AIF1_DAOR #-F#&
0:AIF1_DAOR;

1:AIF1 DAOL;
2:AIF1_DAOL
+AIF1_DAOR;
3:AIF1_DAOL
+AIF1_DAOR ¥ #1&
0:AIF1 _DAIL;
1:AIF1_DAIR;
2:AIF1_DAIL
+AIF1_DAIR;
3:AIF1_DAIL
+AIF1_DAIR#F#1E
0:AIF1_DAIR;
1:AIF1_DAIL;
2:AIF1_DAIL
+AIF1_DAIR;
3:AIF1_DAIL
+AIF1_DAIR &9 #1&

SRR B TH, B K
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71 fE

B

AIF1IOUTOL Mux

AIF10UTOR Mux

AIFIOUTIL Mux

AIFIOUTIR Mux

AIF2 ADC mixer gain

AIF1OUTOL Mux % &

AIF1OUTOR Mux % &

AIF1OUTIL Mux % &

AIF1IOUTIR Mux % &

AIF2 ADCL/ADCR Mixer, %% & # 35

0:AIF1_ADOL;
1:AIF1_ADOR;
2:AIF1_ADOL
+AIF1_ADOR;
3:AIF1_ADOL
+AIF1_ADOR # ¥ #1&
0:AIF1_ADOR;
1:AIF1_ADOL;
2:AIF1_ADOL

+AIF1 ADOR;
3:AIF1_ADOL
+AIF1_ADOR #-F 18
0:AIF1_ADIL;
1:AIF1_ADIR;
2:AIF1_ADIL
+AIF1_ADIR;
3:AIF1_ADIL
+AIF1_ADIR #F3#1E
0:AIF1_ADIR;
1:AIF1_ADIL;
2:AIF1_ADIL

+AIF1 ADIR;
3:AIF1_ADIE
+AIF1_ADIR #-F#1&
0:0dB; 1:-6dB; *t T
ADCIL Mixer, bit0: 1% &
fiL; bitl:AIF2 DACR;
bit2:AIF2 DACIL;
bit3:AIF2 DACOL; *f T
ADCIR Mixer,
bit0:ADCR; bitl:AIF2
DACL; bit2:AIF2 DACIR;
bit3:AIF2 DACOR;
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B4 I &t HE
AIF2 ADC volume AIF2 ADCL/ADCR ¥ &% & 0--0xff, 0 & 7~ mute,

0x 1~0xff & 7~
-119.25dB~71.25dB,
0.75dB/step, 21 0xA0 &~

0dB

AIF2 ADL Mixer AIF1 DAOL  AIF2 ADL Mixer % &, 1# & AIF1 0: X H; 1: 7r /8

Switch DAOL i %

AIF2 ADL Mixer AIF1 DAIL  AIF2 ADL Mixer ¥ &, & AIF1 0: X H; 1: 7 B

Switch DAIL i# %

AIF2 ADL Mixer AIF2 DACR  AIF2 ADE Mixer #% & , % ¢ AIF2 0: X Hl; 1: TR

Switch DACR i %

AIF2 ADR Mixer ADCR Switch AIF2 ADR Mixer #% &, f# & ADCR 0: % [; 1: 7T B

W %

AIF2 ADR Mixer AIF1 DAOR  AIF2 ADR Mixer X &, &t AIF1 0: X Hl; 1: 7F /B

Switch DAOR i %

AIF2 ADR Mixer AIF1 DAIR  AIF2 ADR Mixer % &, f##¢ AIFI 0: AH; 1: FF B

Switch DAIR i# %

AIF2 ADR Mixer AIF2 DACL  AIF2 ADR Mixer % &, 1 &t AIF2 0: X H; 1: 7F /B

Switch DACL i %

AIF2 DAC volume AIF2 DACL/DACR ¥ % & 0--0xff, 0 & °~ mute,
0x 1~0xff %7~
-119.25dB~71.25dB,
0.75dB/step, #F 0xA0 &~
0dB

AIF2INL Mux AIF2INL Mux #% & 0:AIF2 DACL;
1:AIF2 DACR;
2:AIF2 DACL
+AIF2 DACR;
3:AIF2 DACL
+AIF2 DACR #-F 314

AIF2INL Mux VIR switch & &8 aif3 -> aif2 & % 0: KXW 1: 7T B

aif2inl aif3

AIF2INL Mux switch aif2inl & 8¢ aif2 -> aif2 B 0: XxH; 1: IF /B

aif2
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B

AIF2INR Mux

AIF2INR Mux VIR switch
aif2inl aif3

AIF2INR Mux switch aif2inl
aif2

AIF20UTL Mux

AIF20UTR Mux

AIF30UT Mux

DAC mixer gain

AIF2INR Mux % &

# 86 aif3 > aif2 @ %

F 88 aif2 > aif2 B &

AIF20UTL Mux % &

AIF20UTR Mux % &

AIF30UT Mux % &

DAC mixer ¥ 3%

0:AIF2 DACR;
1:AIF2_DACL;
2:AIF2_ DACL
+AIF2_DACR;
3:AIF2_ DACL
+AIF2_DACR #-F # 14
0: xW; 1: FF B

0: % H; 1: FF B

0:AIF2 ADCL;
1:AIF2_ADCR;
2:AIF2_ADCL

+AIF2 _ADCR;
3:AIF2_ADCL
+AIF2_ADCR #7-F31&
0:AIF2_ADCR;
1:AIF2_ADCL;
2:AIF2_ADCL

+AIF2 ADCR,;
3:AIF2_ADCL
+AIF2_ADCR #-F ¥ 1&
0:NULL;
1:AIF2_ADC Left Channel,
2:AIF2_ADC Right Channel
0:0dB; 1:-6dB; *f T
DACL Mixer, bit0: {7 &
fiL; bitl:AIF2 DACL;
bit2:AIF1 DACIL;
bit3:AIF1 DACOL; *f T
DACR Mixer, bit0:ADCR;
bitl:AIF2 DACR;
bit2:AIF1 DACIR;
bit3:AIF1 DACOR;
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B

DAC volume DACL/DACR ¥ &% & 0--0xff, 0 & 7~ mute,
0x 1~0xff & 7~
-119.25dB~71.25dB,
0.75dB/step, 21 0xA0 &~
0dB

DACL Mixer AIFIDAOL DACL Mixer % &, f£ & AIF1 DAOL 0: % H; 1: 7 &2

Switch i B

DACL Mixer AIF1IDAIL DACL Mixer % &, f£ & AIF1 DAIL 0: %X H; 1: 7 2

Switch i

DACL Mixer- AIF2DACL DACL Mixer % &, {# & AIF2 DACL.<0: * []; 1: roE

Switch 1 B

DACR Mixer ADCR Switch DACR Mixer % &, {4 ADCR #% 0: < [; 1: FF 2

DACR Mixer AIFIDAOR DACR Mixer X &, f£f AIF1 DAOR 0: % [; 1: Fr 2

Switch i %

DACR Mixer AIFIDAIR DACR Mixer % &, £ AIF1 DAIR 0: %[; 1: FF &

Switch i B

DACR Mixer AIF2DACR DACR Mixer X &, {£ &8 AIF2 0: X H; 1: JF /8

Switch DACR i# #%

HP L Mux HP L Mux % & 0:DACL_HPL_Switch;
1:LOMixer HPL Switch

HP R Mux HP R Mux % & 0:DACR_HPR_Switch;

LINEINL/R te'LL_R output
mixer gain

Left Output Mixer DACL
Switch

Left Output Mixer DACR
Switch

Left Output Mixer
MIC2Booststage Switch
MIC2 BST stage to L R outp
mixer gain

MIC2 SRC

MIC2 boost AMP gain control

LINEINR:to R output mixer 3¥ #1

Left Output Mixer 1% &, f# # DACL
S

Left Output Mixer 1% &, 1# & DACR
1 B

Left Output Mixer % &, % & MIC2
S

MIC?2 to L or R output Mixer ¥ i1

MIC2 SRC Mux % &
MIC2 # 35

1:ROMixer HPR_ Switch
0--7, &% -4:5--6dB

0: X H; 1: T )5
0: XW; 1: B
0: xH; 1: FF B
0--7, &7 -4.5--6dB

0:MIC3; 1:MIC2
0--7, 0:0dB, 1~7:15--33dB
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A4 AR & #HME
RADC input Mixer LINEINR ~ RADC input Mixer % &, {F & 0: % H; 1: FF B
Switch LINEINR 3 %

RADC input Mixer MIC2 boost RADC input Mixer % &, & MIC2 0: X H; 1: FF B
Switch i %

RADC input Mixer 1_output RADC input Mixer X &, £ & left 0: XW; 1: B

mixer Switch output mixer i %

RADC input Mixer r_output RADC input Mixer X &, #& right 0: X ; 1: 7T B

mixer Switch output mixer i %

Right Output Mixer DACL Right output Mixer % &, & DACL 0: x{; 1: 7T B

Switch SRS

Right Output Mixer DACR Rightoutput Mixer % &, ¥ DACR 0: %X [A; 1o B

Switch S

Right Output Mixer LINEINR  Right output Mixer 1% &, # 0: X H; 1: FF B

Switch LINEINR & 5%

Right Output Mixer Right output Mixer %X &, £ MIC2 0: X [; 1: FF B
MIC2Booststage Switch i

Speaker Switch Speaker 7 % 0: XW; 1: FF B

digital volume BFEERE 0--63, & 7% -73.08--0dB
headphone volume headphone & € X & 0--63,0 & 7~ mute; 1~63

* %~ -62dB--0dB

R E AR 1. F RS

if 3T headphone E- L # # :

amixer -Dhw:audiocodec cset name='AIF1INOL Mux' 'AIF1 _DAOL';
amixer -Dhw:audiocodec cset name='AIF1INOR Mux' 'AIF1_DAOR';
amixer -Dhw:audiocodec cset name="DACL Mixer AIF1DAOL Switch' 1;
amixer -Dhw:audiocodec cset name="DACR Mixer AIF1IDAOR Switch' 1;
amixer -Dhw:audiocodec cset name="HP_L Mux' 'DACL HPL Switch';
amixer -Dhw:audiocodec cset name="HP_R Mux' 'DACR HPR Switch';
amixer -Dhw:audiocodec cset name="Headphone Switch' 1;
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I EHMIC2E &

amixer -Dhw:audiocodec cset name="RADC input Mixer MIC2 boost Switch' 1
amixer -Dhw:audiocodec cset name='AIF1 ADOR Mixer ADCR Switch' 1
amixer -Dhw:audiocodec cset name='AIF1 ADIR Mixer ADCR Switch' 1
amixer -Dhw:audiocodec cset name="AIF1OUTOL Mux' 'AIF1_ADOL'

amixer -Dhw:audiocodec cset name='AIF1IOUTOR Mux' 'AIF1_ADOR'

amixer -Dhw:audiocodec cset name="MIC2 boost AMP gain control' 4

TEWEK KT EERR AIFL # 0, T AIF2 £ % T1& F81% AIF3 £ % T 1 Ti#1E,
XREE L AT EIEFR, X ETENE,

2.13.5 Daudio

BRI

o W% I2S/PCM, Tl Al TR T &, EFEXE, KFAHK;

o XFENER

e ¥ ¥ Left-justified,Right-justified,Standar mode 12S,PCM mode
o X ¥ i2s,pem TN & A B

e ¥ mono 1 stereo £, T L 8 HH

o X #F [ B palyback 7 record(2 M LK)

o X FF 8~192KHz X ## %

o XH 16,24,32bit XEEAGE

o I 28 MCLK #i

2.13.5.1 NI E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
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Allwinner SoC Audio support --->

<*> Allwinner Digital Audio Support

2.13.5.2 sys_config fit &

[snddaudio0]
snddaudio0 used = 1

[daudio0]
daudio0 used =1
daudio_master =4

0

72
7

tdm_config = R
mclk div=1
audio_format = 1
signal_inversion = 1
pem_lrck period = 32
;msb _Isb first=10
slot_width_select = 32
frametype = 1

;tx_data mode =1
;rx_data_mode = 1
daudio_regulator =

snddaudio0 #2 &, EF daudio0 machine X 5/ i #H < it &

snddaudio fit & snddaudio fit & i #H
snddaudio0_used & % # fl-snddaudio F &, 0: A F;01: A

daudio0 B2 &, BN daudioO platform IR 5 B #8 < BL &

daudio i & daudio T & 1% B4
daudio0 used & &% fl daudio 5. 0: AFERA; 1: #H
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daudio It &

daudio . & . BH

daudio master

audio format

signal inversion

slot width_select
pcm_lrck period
msb_Isb_first
sign_extend
frametype

mclk div

tdm_config
tx_data_mode
rx_data mode
daudio regulator

1: SND SOC DAIFMT CBM_CFM(codec clk & FRM master), Ef
daudio # & 1E ¥ slave, codec 1€ % master 2:

SND SOC DAIFMT CBS CFM(codec clk slave & FRM master), —
# A F 3: SND_SOC_DAIFMT_CBM_CFS(codec clk master &
frame slave), —#% 1 4: SND _SOC_DAIFMT CBS_CFS(codec clk
& FRM slave), B daudio # I {E 7 master, codec 1E 7 slave

1: SND_SOC _DAIFMT I2S(standard i2s format) 2:

SND SOC DAIFMT RIGHT J(right justfied format) 3:

SND _SOC DAIFMT LEFT J(left justfied format) 4:

SND SOC:DAIFMT DSP A(pcm. MSB'is available on:2nd BCLK
rising edge after LRC rising edge) 5:

SND SOC DAIFMT DSP B(pcm. MSB is available on 1nd BCLK
rising edge after LRC rising edge)

1: SND SOC DAIFMT NB NF(normal bit clock + frame) 2:

SND SOC DAIFMT NB_IF(normal BCLK + inv FRM) 3:
SND_SOC DAIFMT IB NF(invert BCLK + nor FRM) 4:
SND_SOC DAIFMT IB _IF(invert BCLK + FRM)

X # 8bit, 16bit, 32bit 7 &

— AT B & 16/32/64/128/256 /1 belk

0: msb first; 1: Isb first

0: zero pending; 1: sign extend

0: short frame = 1 clock width; 1: long frame = 2 clock width

0: not output(normal setting this);
1/2/4/6/8/12/16/24/32/48/64/96/128/176/192: % 4} #fi-codec 2 i 4,
M #E 72 pll_audio/mclk_div

0: pcm mode; 1: i2s mode

0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law

0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
daudio ft R B E
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2.13.6 Dmic

B AR

o TH 8 BH
o ¥ ¥ 8~48KHz ¥ H =
o F I 16/24bit FHEME E

2.13.6.1 A ZE

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner DMIC Support

2.13.6.2 sys_config I &

B & 420 T :

%

[dmic] | :\6
dmic_used = 03

[snddmic]

snddmic_used =0

dmic Bt &, Bl platform Xz ¥ 48 < g &

dmic Bt & dmic e & it 9
dmic_used & &R dmic Bz, 0: AEH; 1. FA

snddmic B2 &, B machine s/ =&
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snddmic 2 & snddmic 2 & 1%, BF
snddmic_used & & A snddmic Bz, 0: FFA; 1: A

e sys config ¥ 7% ZME codec 1Kz &

# machine Bz X AL Bk A B2 B 7 "dmic-codec" 1€ % codec Iz, X AL #% 4% .

linux-4.9/sound/soc/codecs/dmic.c

2.13.7 AR 2 F AR 7 %

2 W E BN B AR LS AT H AN A 2

2.13.7.1 &k

amixer -Dhw:audiocodec cset name='AIF1INOL Mux' 'AIF1_DAOL';
amixer -Dhw:audiocodec cset name='AIF1INOR Mux' 'AIF1 _DAOR';
amixer -Dhw:audiocodec cset name="DACL Mixer AIFIDAOL Switch' 1;
amixer -Dhw:audiocodec cset name="DACR Mixer AIFIDAOR Switch' 1;
amixer -Dhw:audiocodec cset name="HP L Mux’ 'DACL HPL Switch' ;
amixer -Dhw:audjocodec cset name="HP, &\Mux' 'DACR HPR Switch';
amixer -Dhw: @mcodec cset name—'Headphone Switch' 1;

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

AN A TR LR £

amixer -Dhw:audiocodec cset name="headphone volume' 50
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2.14 R328 &4 0

2.14.1 B R JE

R328 FH#E T £ 8, @4 6 /M F MLk, 2 7| £ W E audiocodec,daudio0,daudiol,daudio2,dmic,spdif.

5 4ME K H MAD 1E7E B2 A ] (3 2098 % 2.14.8 MAD E ¥),

Codec Daudio0 Daudiol Daudio? Dm?\c Spdif
A ) A A A A
Y Y Y Y Y Y
Mic External Bluetoot Other.. Mic Sound
Speaker Codec h Array Box

Kl 34: R328 & M 1F1E F

2.14.2 B 7R

R328 #, 6 /& AL S i B #7 R 2k B pll_audio
pll_audio & LL#i HH 24.576M B4 22.5792M My B 4F, 9 A S FF 48k F A, 44.1k FF| W HE KR e

pll_audio
v
pll_audiox4
v v v l v v ¥
coﬂgiﬁ'x i250 clock i2s1 clock i2s2 clock dmic clock spdif clock
Y ! ! ! ! Y
audiocodec daudio0 daudiol daudio2 dmic clock spdif clock

X RBRTH, BALT
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& 35: R328 A 445

2.14.3 K A5 4 #

linux-4.9/sound/soc/sunxi/

F—— spdif-utils.c / spdif codec B 7/

F—— sun8iw18-codec.c // codec B 5

|—— sun8iw18-codec.h

F—— sun8iw18-sndcodec.c // codec machine 32 5
F—— sunxi-cpudai.c // codec platform ¥ 5

F—— sunxi-daudio.c // daudio platform ¥

|—— sunxi-daudioh

F—— sunxi-dmic:c // dmic platform 33

I-— sunxi-dmic.h

F—— sunxi-mad.c // 2 #:MADAE % 7 .8 &

|—— sunxi-mad.h

F—— sunxi-pem.c / & i X, 42 4 0E Mplatform IR B 68 0 AR % HHE
|—— sunxi-pcm.h

bF——sunxi_rw_func.c /@& A X, EEEWHFTFEREED
I—— sunxi rw_func.h

F—— sunxi-snddaudio.c // daudio machine 3 5/

|—— sunxi-snddaudio.h

I—— sunxi-snddmic.c // dmic machine ¥t 7

|—— sunxi-snddmic.h

F—— sunxi-sndspdif.c // spdif machine3: 5

|—— sunxi-spdif.c // spdif platform38 5|

L—— sunxi-spdif.h

linux-4.9/sound/soc/codecs/dmic.c // dmic codecEX
linux-4.9/sound/soc/soc-utils.c // daudio codec3r 5|

2.14.4 Audiocodec

B ARl

e — % DAC

— ¥ 16bit,24bit K EAE E
— X # 8KHz~192KHz X # %

e =% ADC

X RBRTH, BALT
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— ¥ 16bit,24bit K FEAE B
— ¥ # 8KHz~48KHz K &R

o —HAEMM Y. — 8B =4 lineoutP/N, X #F# 3% lineout #r
o —BAEME A : MICI,MIC2,MIC3

o I # [ A playback F7 record(2 W LX)

e DAC K ADC ¥ 3 # 5 £ DRC

e DAC FIFO K & 128*24bits, ADC FIFO K /Z 128*24bits

2.14.4.1 W E

2

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner Sun8iw18 Codec Support

2.14.4.2 sys_config I &

[sndcodec]
sndcodec used = 0x1

[cpudai] \
cpudai_used f\\%xl

[codec]
codec_used = 0x1
digital vol = 0x0
lineout_vol =0x1la
miclgain = 0x4
mic2gain = 0x4
mic3gain = 0x0
adcgain = 0x3
adcage cfg = 0x0
adcdre_cfg = 0x0
adchpf cfg = 0x0
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dacdrc_cfg = 0x0
dachpf cfg = 0x0
pa_ctl _level = 0x1

pa_msleep time = 160
gpio-spk = port:PHI<1><1><1><1>

sndcodec Fit. &, EF machine I 54 #4 48 % Bt &

sndcodec 2 & sndcodec B & ¥, B
sndcodec used & & F sndcodec . 0: AMEH; 1: A

cpudai Bt &, BN platform IX 4 89 40 A &

cpudai Bt & cpudai . & % 87
cpudai_used & & EF cpudai Mz, 0: ~FEA; 1: #FA

codec F2 &, BN & audiocodec IX 51 vy 4H % Bt &

codec fL & codec Bt & it B

codec_used & & 1# fl codec Wz, 0: TFEH; 1: A

digital vol ¥ digital volume, ¥ 1 i?ﬁﬁﬁj 0~0x3f, & 7~ 0~-73.08dB, -1.16dB/step

lineout_vol lineout volume, F] 1% & 3% & 0~0x1f, 57~ -43.5dB~0dB, 1.5dB/step

miclgain micl ¥ 3, 7% E 3% E0~0x7, 0:0dB,:1~7:15~33dB, 3dB/step, — #t1% & 0x4, B}
24dB

mic2gain mic2 ¥z, F[ % E % E 0~0x7, 0:0dB, 1~7:15~33dB, 3dB/step, — X 1X & 0x4, B}
24dB

mic3gain mic3 # 35, ¥ % ik B 0~0x7, 0:0dB, 1~7:15~33dB, 3dB/step, — #k X & 0x4, B[
24dB. 4 R 1€ % aec B #, NFEXE N 0dB

adcgain adc ¥4 35, ¥ % % 6 B 0~0x7, &~ -4.5~6dB, 1.5dB/step, — & % & 0x3, B 0dB

adcdre cfg A& &% A adcdre. 0: 1~ ﬁ)ﬂ 1: £

adchpf cfg 7 & f adchpf. 0: & A; 1: #H

dacdrc_cfg 7= &£ | dacdrc. 0: 3 Fl; 1: £

dachpf cfg & & 1% F| dachpf. 0: T3 Fl; 1: f&

pa_ctl level PAGIERE TR, 0: REFEXK; 1: mEFAXK
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codec it & codec Bt & . BH
pa_msleep_time  #1F PA Z 5 Wy JE BT BT 8] (] K % pop &)
gpio-spk PA L RET|

EEE:

R M E EH v 3 audiocodec F F, T & . codec,platform,machine X zj #f #% F, B}
codec_used,cpudai used,sndcodec used #F & ¥ 1;

digital_vol,lineout_vol % & & & M 1 de LM BRI E, # A\ A% /547 LL# i amixer T B 57
EHATHE KRB

& gpio-spk ELEIL#H, £4LFE EMERERT Z gpiO'

EE pa_ctl_level, SEFRThaHy PA Gl EE - FREN, TEMEFHK

2.14.4.3 codec 33 i %

FLESEER| nnag‘;p ; .
::E; IE/\ b‘“‘eﬂﬁf‘] pregan[za]  ARagols)
MIC3 E}“"@!‘[M] b
(]
Afiegnja] —
ARegaD[z:d] ag" ol7]
aReglE]a] S—
i Araz0ld
aRagaDzd] APB
[}
™ + b ADC e
(]
DRag00n[sl]
= nnasr saq] .
Anegs
= m : W }—LINEQUTL(P)
LlNEOUTR[N]
ARegis[y
Bl 36: R328 & #+ %
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7

FE

Playback --> DACL --> Left LINEOUT Mux --> LINEOUTL --> External Speaker
Playback --> DACR --> Right LINEOUT Mux --> LINEOUTR --> External Speaker

MIC1 --> MIC1 PGA ---> Left Input Mixer --> ADCL --> Capture
MIC2 --> MIC2 PGA ---> Right Input Mixer --> ADCL --> Capture
MIC3 --> MIC3 PGA ---> Xadc Input Mixer --> ADCL --> Capture

R328 AT A =440 T %
5 1 4 #1 I &E #HE
Lineout Switch & g lineout 0: XH; 1: 7T B
ADC gainwvolume ADC #¥ 27 0--7, &7~ -4.5<6dB, B Kt &

External Speaker Switch
LINEOUT volume

Left Input Mixer DACL Switch

Left Input Mixer MIC1 Boost
Switch

Left Input Mixer MIC2 Boost
Switch

Left Input Mixer MIC3 Boost
Switch

Left LINEOUT Mux

Right LINEOUT Mux

MIC1 gain volume

MIC2 gain volume
MIC3 gain volume
Right Input Mixer DACL Switch

Right Input Mixer MIC1 Boost
Switch

{# 8¢ lineout LA & PA
lincout ¥ 21X &

Left Input Mixer % &, 1 #¢
DACL i %

Left Input Mixer % &, ¥ #¢
MIC1 i B

Left Input Mixer % &, {# #¢
MIC?2 i B

Left Input Mixer X &, 1# &
MIC3 & #

Left Lineout Mux 1% &

Right Lineout Mux % &
MIC1 Boost AMP gain

MIC2 Boost AMP gain

MIC3 Boost AMP gain

Right Input Mixer 1% &, ##
DACL # %

Right Input Mixer % &, &
MIC1 # %

FEEEI

0: XW; 1: Fr B

0--31, %R -43.5--0dB, A1k it
HiEEERE?2

0: XW; 1: FF B

0: XW; 1: FF B
0: <M 1: FF B
0: XW; 1: FF B

0:DACL; 1:NUEL(%)
0:NULL(%); 1:DACL

0--7, 0:0dB, 1~7:15--33dB, £ /&
WHEIFEFER3

5 MICI gain volume 1% & —#
5 MICI gain volume 1% & —
0: X H; 1: I B

0: <H; 1: FF B
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4R o #E o

Right Input Mixer MIC2 Boost ~ Right Input Mixer X &, {# gt 0: xH; 1: FF B

Switch MIC2 i #

Right Input Mixer MIC3 Boost  Right Input Mixer % &, f# & 0: XW; 1: FF B

Switch MIC3 3 B

Xadc Input Mixer DACL Switch  Xadc Input Mixer X &, {£ 8 0: xH; 1: FF B
DACL i %

Xadc Input Mixer MIC1 Boost ~ Xadc Input Mixer % &, 1 & 0: XH; 1: It B

Switch MIC1 # %

Xadc Input Mixer MIC2 Boost ~ Xadc Input Mixer % &, f# & 0: x@; 1: FF B

Switch MIC2 # &

Xadc Input Mixer MIC3 Boost ~ Xadc Input Mixer X &, 1F & XA 1 FFE

Switch MIC3 # %

codec hub mode 1# §& audiocodec hub I g 0: Xi; 1: FF B

digital volume B meERE 0--63, &K -73.08--0dB, £ fkit

HiEEERA4

e =% 1 ADC gain volume i+ % 7 ik: 5 fl B 7] % & 6 B:0 ~ 7 *f L SEFR A2 £F 1% & 7Y 36 [# :-4.5~6dB,
step: 1.5dB # & 77 i%:-4.5+(n*1.5) # |, % E 0dB: -4.5+(n*1.5)=0n=3 UL FE LA\ TH&
441X & A 0dB: amixer -D hw:audiocodec cset name="ADC gain volume' 3

e 7 2 LINEOUT volume 1+ H 77 ik: MAEFXEEE: 0 ~31 (XEN05#F 1 &, %2 mute)
Xt R SEPREE AU B B VG Bl -43.5~0dB, step: 1.5dB # & 77 i%:-43.5+((n-2)*1.5) 4.1, % E 0dB:
-43.5+((@2)*1.5) = 0 n=31 AT LR AlJE Eor N T 44 1% E A 0dB: amixer -D hw:audiocodec cset
name="LINEOUT volume' 31 2| 2, 1% & -6dB: -43.5+((n-2)*1.5) = -6 n =27 ArLA S | B EHA T
T 4 4% B 4 -6dB: amixer -D hw:audiocodec cset name="LINEOUT volume' 27

o B 3MICI gain volume It H 7 ik: MAEFTIXERE: 0 ~70XE N 0, 3£ 0dB) X iz
SERRAE R B RIS B . 0dB 2 # 15~33dB, step: 3dB # & 7 ik:15+((n-1)*3) %4, ¥ & 24dB:
15+((n-1)*3)=24n=4 FTLA N F Z F N T @ & 4 %X & A 24dB: amixer -D hw:audiocodec cset

name="MICI gain volume' 4

o £ 4 digital volume 1T 5 77 7« f f| & 7] 1% B S Bl : 0 ~ 63 % iz 52 F7 2 14 1% & 19 36 [E : -73.08~0dB,
step: 1.16dB # & 7 i%:-73.08+(n*1.16) 2] 1, % & 0dB: -73.08+(n*1.16) =0n =63 BT UL A B
i N T @4 4% & # 0dB: amixer -D hw:audiocodec cset name="digital volume' 63 % 7] 2, %
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& -5.8dB: -73.08+(n*1.16) = -5.8 n =58 ArLL M I B L A T H & 4% & # -5.8dB: amixer -D
hw:audiocodec cset name="digital volume' 58

R EEP: 1 FREE

i# if Speaker#h 7k, Z4H:

amixer -D hw:audiocodec cset name='External Speaker Switch' 1
amixer -D hw:audiocodec cset name='digital volume' 63

amixer -D hw:audiocodec cset name='"LINEOUT volume' 25
amixer -D hw:audiocodec cset name='Right LINEOUT Mux' 1

2. XEFRE N

i 3 HHMICL, MIC2 3 %

amixer -D hw:audiocodec cset name='Left Input Mixer MIC1 Boost Switch' 1
amixer -D hw:audiocodec cset name='Right Input Mixer MIC2 Boost Switch' 1
amixer -D hw:audiocodec cset name='"MIC1 gain volume' 4

amixer -D hw:audiocodec cset name='"MIC2 gain volume' 4

3. % JF AEC # %

H P FEABCE % 77 X, F KA (it

; N

1) 4 #AEC \ \&21

MICl,Mlc%%‘\i; MIC3 {E 4 AECy#Nl SPKP/N 4 | MIC3.
amixer -D hw:audiocodec cset name="Left Input Mixer MIC1 Boost Switch' 1
amixer -D hw:audiocodec cset name='Right Input Mixer MIC2 Boost Switch' 1
amixer -D hw:audiocodec cset name='Xadc Input Mixer MIC3 Boost Switch' 1
amixer -D hw:audiocodec cset name='MIC1 gain volume' 4
amixer -D hw:audiocodec cset name='"MIC2 gain volume' 4
amixer -D hw:audiocodec cset name='"MIC3 gain volume' 0

2) W #AEC(¥] 4 %4} #AECE %)
MIC1,MIC2% % ; MIC3/F A AEC, (% € /1 #iDACLE|IMIC3 # 1# .
amixer -D hw:audiocodec cset name='Left Input Mixer MIC1 Boost Switch' 1
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amixer -D hw:audiocodec cset name='Right Input Mixer MIC2 Boost Switch' 1

amixer -D hw:audiocodec cset name='Xadc Input Mixer DACL Switch' 1
amixer -D hw:audiocodec cset name='"MIC1 gain volume' 4

amixer -D hw:audiocodec cset name='"MIC2 gain volume' 4

2.14.5 Daudio

BRI

o ZH DSHPCM, Tl A THTHEIE, EFEXRE, HF I

o XHFFEMNHERN

e X FF Left-justified,Right-justified,Standar mode 12S,PCM mode
o I ¥ i2s,pem NG AT E

e 3 ¥ mono 1 stereo £, T L 8 HEE

o I #F[E| AT palyback 7 record(2 X T R)

o X F 8~192KHz X # %

o X 16,24,32bit XM E

o X 3 B MCLK i

2.145.1 AZILE

[ 3
Device Dri \\s -->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner Digital Audio Support

2.14.5.2 sys_config fit. &
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[snddaudioO]
snddaudio0_used =0
daudio_master =4
audio_format =1

signal_inversion = 1

[daudio0]

daudio0 used =0
slot_width_select =32
pem_lrck period = 128
msb_Isb_first=0
sign_extend = 0
frametype = 0

mclk div=1
tdm_config =1
tx_data_ mode =0

rx_data_mode =0

snddaudio0 B2 &, Bl daudio0 machine 3X 5 i 46 % Bt &

snddaudio it &

snddaudio Ft. & i, FH

snddaudio0 used

daudio master

audio_format

signal_inversion

&% A snddaudio F 3. 0: FEA; 1: EA

1: SND SOC DAIFMT CBM_CFM(codec clk & FRM master), B[
daudio # T E 4 slave, codec 1 & master 2:

SND SOC DAIFMT CBS CFM(codec clk slave & FRM master), —
7 Fl 3: SND SOC_DAIFMT CBM_CFS(codec clk master &
frame slave), —#% A 4: SND _SOC DAIFMT CBS CFS(codec clk
& FRM slave), Bl daudio # I 1€ 4 master, codec 1€ %7 slave

1: SND_SOC DAIFMT I2S(standard i2s°format) 2:

SND SOC DAIFMT RIGHT J(rightjustfied format) 3:

SND_SOC DAIFMT LEFT J(left justfied format) 4:

SND_SOC DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK
rising edge after LRC rising edge) 5:

SND SOC _DAIFMT DSP B(pcm. MSB is available on 1nd BCLK
rising edge after LRC rising edge)

1: SND SOC DAIFMT NB NF(normal bit clock + frame) 2:

SND SOC DAIFMT NB_IF(normal BCLK + inv FRM) 3:

SND SOC DAIFMT IB NF(invert BCLK + nor FRM) 4:

SND _SOC DAIFMT IB IF(invert BCLK + FRM)
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daudio0 B2 &, B[ daudioO platform 3% 5 ¢4 48 < B &

daudio ft. & daudio . & it B4

daudio0 used & %1% daudio ez, 0: FFEH; 1: FA

slot_ width_select ¥ FF 8bit, 16bit, 32bit 7 Z

pem_Irck period — T ELE 16/32/64/128/256 A~ belk

msb_Isb_first 0: msb first; 1: Isb first

sign_extend 0: zero pending; 1: sign extend

frametype 0: short frame = 1 clock width; 1: long frame = 2 clock width
mclk div 0: not output(normal setting this);

1/2/4/6/8/12/16/24/32/48/64/96/128/176/192: % 4k codec 1% BLiT4F,
M E & pll audio/mclk div

tdm_config 0: pcm mode; 1: 12s mode

tx_data_mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law

rx_data_mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
EREEI:

e daudio machine T W BC & (snddaudio), — it & 1 1 F ZEL & codec name DA X codec dai name

1. #4n daudio0 /& 5l T AC108 1E # #ME codec:

[snddaudio@]

snddaudief used = 1
sunxi,snddaudio-codec = "ac108.1-003b";
sunxi,snddaudio-codec-dai = "ac108-pcm0";
daudio master = 4

audio_format =1

signal inversion =2

[daudio0]

daudio0 used =1

slot width_select = 32
pem_lrck period = 128
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msb_Isb_first=0
sign_extend = 0
frametype = 0
mclk div=1
tdm_config =1
tx_data_mode =0
rx_data mode =0

ERLHEE Scodec Ko # L E & H— 3, #wacl08HEzy, K4
linux-4.9/sound/soc/codecs/ac108.c
KA #snd soc register codeciE MrcodecHi 5, H F codec device name % ac108.1-003b,codec dai name % ac108-pecm0

2. fl4n daudio? 5 bluetooth # 2 A8 % (KA L FTFH codee W 3f), A4 X Bt & codec name, codec dai
name HZ I & % dummy codec, ¥ LA#n THC &

[snddaudio2]

snddaudio2 used =1

sunxi,snddaudio-codec = "snd-soc-dummy"
sunxi,snddaudio-codec-dai = "snd-soc-dummy-dai"
daudio _master = 1

audio_format =5

signal_inversion = 2

J BR 5] o f# Arsnddaudio-codec s F Bt B, HIWT i 4 f B 4% JU 6% A BR 1A codec"snd-soc-dummy",
B LA #r & sunxi,snddaudio-codec #2sunxi,snddaudio-codec-dai B2 &, 24 BL B 4 %5 # B 1%,

| Bk A & il dummy codec:

[snddaudio2]

snddaudio2 used =1

daudio_master = 1 (\\

audio_format =5 \\6%

signal_inv%@})n =2

B

[snddaudio2]

snddaudio2 used =1
sunxi,snddaudio-codec =
sunxi,snddaudio-codec-dai =
daudio master = 1
audio_format =15
signal_inversion =2
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2.14.6 Dmic

B AR

o TH 8 BH
o ¥ ¥ 8~48KHz ¥ H =
o F I 16/24bit FHEME E

2.14.6.1 A ZE

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner DMIC Support

2.14.6.2 sys_config I &

B & 420 T :

%

[dmic] | :\6
dmic_used = 03

[snddmic]

snddmic_used =0

dmic Bt &, Bl platform Xz ¥ 48 < g &

dmic Bt & dmic e & it 9
dmic_used & &R dmic Bz, 0: AEH; 1. FA

snddmic B2 &, B machine s/ =&
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snddmic 2 & snddmic 2 & 1%, BF
snddmic_used & & A snddmic Bz, 0: FFA; 1: A

e sys config ¥ 7% ZIE codec W18 K15 &

# machine Xz X A2 B\ B2 B T "dmic-codec" 1€ % codec Xz, X AL # 4% .

linux-4.9/sound/soc/codecs/dmic.c

2.14.7 SPDIF
CEGR

e X # S/PDIF OUT #1 S/PDIF_IN

e S # mono 1 stereo 3, (mono # X T &% ¢+ E 3 #6 & 4 stereo)

o i H X #F 22.05khz, 24khz, 32khz, 44.1khz, 48khz, 88.2khz, 96khz, 176.4khz, 192khz X £ &
o i A\ X #r 44.1KHz,48KHz F # &

o i i And N\ X HF 16bit,24bit K FEAE E

2.14.7.1 AZEE

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner SPDIF Support

2.14.7.2 sys_config fit. &
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[sndspdif]
sndspdif used =0
[spdif]

spdif used =0

spdif Bi. &, BN platform IX 3/ # 48 < Bt &

spdif Bit. & spdif B2 & 1t #A |
spdif used £ &AER spdif Bzho 0: AER; 1: FA |

sndspdif B2'& , BN machine X 5/ i 48 A B B

sndspdif Bt & sndspdif B2 & it BH
sndspdif used & & sndspdif Wz, 0: AR 1: A

e sys config ¥ 7% ZME codec 1%z &

4 machine I 4 XA 2 BRI\ BL & T "spdif-utils" 1€ % codec W l, KA # 1%

linux-4.9/sound/soc/sunxi/spdif-utils.c

2.14.8 MAD

BRI

o XF-—H12S, — % DMICPCM FHMEHED, Bo AR, BEE 16bit
o ¥ # 16KHz48KHz ¥ # &

o XFEEATHERAMIEF L NAEHR LPSD

o ¥ H#H—3k 128KB #Y SRAM, ¥ f| TR 7 & MK 3E
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2.14.8.1 NI E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner Mad Support

2.14.8.2 sys_config fit. &

[mad]

mad _used = 1

Ipsd _clk _src_cfg=0
standby sram io type =1

mad Bt & mad Bt & ¥ B
mad_used &£ & EF mad Bz, 0: FAER; 1: F A

2.14.8.3 mixer 15137 B

1. mad 4§ % 128

A4 R 7 &k H1E

daudio bind mad Function & & 40 MAD I ¢ 0: 4052, 1: 48 &

Ipsd channel sel Function b B AE ) B E TR WY 0: # 3 0; 1: HE 1; 2t
K, Je 8 EE T

mad_standby channel sel Function 1% & AR HR Bt mad & & 1 & 40 0: FfFF Lhrx & #

HH 1 FOR R
i 2: Fon AR I
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i 25
2. mad #f % Z| dmic
A 4 AR ikl H1E
dmic bind mad Function & &4 % MAD I g 0: 40, 1: 48
Ipsd channel sel Function b B AE ) B B TR WY 0: 3 0; 1: HH 1; 2y

mad_standby channel sel Function 1% & AR HR Bt mad 5 & 1 & 40 0: R LrF &R

R, mm g R EE T

HH 1 AT R P

3 2: Ao AR I

2.14.8.4 £ JF| i} FH

Bl LI E, R EWBK sys_config ML W AZEC E B P]

I JF b2 B A{F 8 MAD A8 < 9 mixer control

12S % B 5B, i 82 acl08:

mad ¥ 7%, 47 £ mad % daudio

amixer -Dhw:sndac1081003b cset name='daudio bind mad Function' 1

R E O R

amixer -Dhw:sndac1081003b cset name='"lpsd channel sel Function' 0

1% 7€ mad standby i, 5 & B4 3 1 4

amixer -Dhw:sndac1081003b cset name='mad_standby channel sel Function' 2

S

DMIC % & %

amixer -Dhw:snddmic cset name='dmic bind mad Function' 1

amixer -Dhw:snddmic cset name="lpsd channel sel Function' 0

amixer -Dhw:snddmic cset name='mad_standby channel sel Function' 0

& Ja B IE

T

el

HAEEHT, WREEHNKR, £ TE/LELAEIMN:

1. BEFF. ¥4 snd pem pause ¥ playback,capture ¥ # (%
2. % E wakeup count. ¥ ¥4 F[ " EL K 2K

SRR B TH, B K

Copyright © 2019 Allwinner Technelogy. All rights reserved.

172



Auwiner
<:: B

AR . 5 mem Z|/sys/power/state B F]

tina SDK #H — - gt 4 & demo ¥ 5%

make menuconfig ¥ ¥ mad-demo # &

Allwinner --->

<*>mad-demo

#.AT mad-ac108-demo, Zki\HE (B A /usr/bin/mad-ac108-demo 1% % T BRAHL &):

o F JH 1 0 E Xy " FE i 11
o Skl 4@, 16bit, 16K
o BIRFE 5s gt NIRIR, "R ETRERTE

#AT mad-dmic-demo, ZRI\ECE (A /usr/bin/mad-dmic-demo % & 7 BR AL &):

o 1F i 0 F N 4BEil
o il 43, 16bit, 16K
o BIRFET 5s gt NRHIR, A H# T EZ R ERTE

WwRBEEFEFFHE, F L dump £ %, # 40 mad-dmic-demo dump, & & > 1 & 7 #£/mnt/
UDISK/E & T

2.14.8.5 b 2 BE FE 5 %%

R EREEAR R Ipsd, RARELIEANANAH, BEHGEEMRITHE (XL BEX]E, BF
bt 2 W s ) fE = A0 M| 5 2K BC & 4 78 /sys/module/sunxi_mad/parameters/ B & T

Ipsd_rrun F7 lpsd_rstop HY & & 1A :

Ipsd_rrun Ipsd_rstop
77 88
77 108
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Ipsd_rrun Ipsd_rstop
77 128
77 148

1. BEfREE R 5%, E£EE Ipsd_rrun A Ipsd_rstop

o —EATR A stop E#HATHE K

o WMRARXFHEL T VLM E —NF, W LLZRER stop B, ¥ LA IR & 408 17 4098
WEEE, BERH2REREEX, NEEFTLLREZBAEELN, RERA,

o WRMERFMIZAEE R (FFF R FEALEE), NTLLERREE stopfl. FIHH, X28H %
MR EE T RIES T, fln—BFERMK, FTERKWIER.

o MR EURRUBERLEARNFS, ZFRFEREZRTR. %, WERESK

2. AMeEER NS %K, £EZ Ipsd th

o RATEVEFBINME 1200, Z W& % EE 50~1200

2.14.8.6 = = =T

1. MAD %2 5 1F, FEENMATITE FRBRKES

2. MARMELM—BER, AAEEE (21484 EAWA) FF

3. 4m R i3 Blowakeup_count i — B [ %, 37 BA 4 5l 17 & wake_lock ALF BUER A, £l4m usb & #E#
#& PCy usb o & fREF— /> wake dock, ik R Gt NRER, FrLLF Z k3% usb 34 % £ usb
HElnes b, SREBRNNAE, F42 usb W) wake lock #1# A

2.14.9 VAD

VAD £ 4 F MAD 23 8y, ¥ LA 3E 5 EF audiocodec B9 ADC R & & 5 siE, H1Etb &, &
T4 MAD #66 R 65 T 12S s # DMIC, W codec ok H ¥ x5 3 MAD, B @i 2S B4
FEMBEAATE, LI T VAD 6k, FHEED MIC 4.5 LLF| F MAD 34 66 1E 6 & 4 BE

VAD 72 % B 2 12 38 % -
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ADC RxFiFo ---> I2S TxFiFo ---> 12§ RxFiFo ---> MAD SRAM ---> MEM

2.149.1 NI E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->

Allwinner SoC Audio support --->
[*] Allwirmer 12S PCM DMA MAP Support D
<*>Allwinner Mad Supporf &Q
<*> Allwinner Sun8iw 18-Codec Support '\
<*> Allwinner Digital Audio Support

2.14.9.2 sys_config fit. &

EE(F ff MAD L & .

[mad]

mad used =1

Ipsd_clk src_cfg=0
standby sram io type =1

mad 2 & mad ‘BT & % 87
mad_used A& & E R mad Bz, 0: AFER; 1: F A

2.14.9.3 mixer 1% 1% B
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<:: B

T4 o gE HE

codec 128 Port 5 & VAD f£ i # 12S 0: 3& ;5 1: 6 A 12S0;
2: £ A 12S1; 3: £ A
12S2

sndcodec bind mad Function 7= & 48 MAD 3 68 0: T4FE; 1: 46 =

Ipsd channel sel Function BB AE A B E R WY 0: 8 0; 1: FE 1; 2t
Kig, mem [ E@E T

mad_standby channel sel Function WEMNIKE mad XFHEELH 0 kR EHELTFRFTHE

HEH; 1 AT AR P
20 FOR R R Y 3

NN e
R

T #E 4 codec 12S Port", F & 15 E L% 7 A (sys_config 3% A # gL #Y) By — B 12S., X EF
1

o LI A % A 1250(sys_config % snddaudio0,audio0 3% 4 B ), 7 4% B A LR E 4 1, &7
VAD 1 Ji 12S0

o LT 3% A 1 A 12S1(sys_config ¥ snddaudiol,audiol & F B &), AN 4 X B LLLE 4 2, £F
VAD £ Jfl 12S1

B E ¥4

amixer -Dhw:audiocodec cset name='codec¢d2S Port' 2

amixer -Dhw:audiocodec cset name='snd¢odec bind mad Fungtion' 1
amixer -Dhweaudiocodec cset name=lpsd channel sel Function' 0

amixer -Dhw:audiocodec cset name='mad_standby channel sel Function' 0

2.14.9.4 1 JF| i} FH

VAD #1# fl § MAD &,
B EERE, R EAEK sys config YLK A AZ T & BF ¥#]
Rzl B T 4T W audiocodec B R i 24, AFETEH — L E:
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vad 5 B AF fl — #i2s,1X B 45 % fF Ai2s]

amixer -Dhw:audiocodec cset name='codec 12S Port' 2

1# fE mad,%F ¥ mad %|audiocodec #

amixer -Dhw:audiocodec cset name="sndcodec bind mad Function' 1

WERMOME A R

amixer -Dhw:audiocodec cset name='lpsd channel sel Function' 0

WIER R IEEHATRERT, wRFEHANKEK, F TEH/LALALIAN:

1. HEFF. #F#. snd pem pause ¥ playback,capture ¥ % 1%
2. % & wakeup count. FHT Y Ar M B2 KK
3. # ANMRER. B mem #|/sys/power/state B ¥]

tina SDK # 8 — /gt 2% BE demo 7] £ 5 %

make menuconfig ¥ # mad-demo &

Allwinner --->

<*> mad-demo

#AT vad-demo, ZRIAEE E (F A /usr/bin/vad-demo 1% % 7 BRIABE &E):

o 1# i I12S1
o k| 23, 16bit, L6K
o BRFE 5s FHNARIR, 7l WiE T E R

R BEEFKFHE, ¥ LLIAT vad-demo dump, & F X & F & /mnt/UDISK /vad-test. wav

REERERAENEE, TUSF (2.14.85 st &4 HE 540

2.14.9.5 /T E =1

VAD FIHEE T E MAD (2.148.6 TE=T) =X TR I JLE
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AN FEER, VADRAER T —% 12S, UG L FERYE — 5 12S, I H sys_config # 1

BEfF iz 2S BL B

2.14.10 #7 2 T IR 7 3%

ZEWEENBEFRE LHATEHR, TFONA a4

2.14.10.1 & 7k

i ¢ Speakerd 7k N

amixer -D hw:audiocodec cset name='External Speaker Switch' 1
amixer -D hw:audiocodec cset name='Right LINEOUT Mux' 1

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

2.14.102 &

I MIC1,MIC2 5 #| 7 1 &

amixer -D hw:audiocodec cset name='Left Input Mixer MIC1 Boost Switch' 1
amixer -D hw:audiocodec cset name='Right Q]put Mixer MIC2 Boost Switch' 1
amixer -D hw:audigeodec cset name= 'Ml@ boost volume' 4

amixer -D hw \@dlocodec cset name—'MfCZ boost volume' 4

arecord -Dhw:audiocodec -f S16_LE -r 16000 -c 2 /tmp/test.wav

215T7 E4#FEH

T7 @4 6 N FHEH, 2 4| £ W E audiocodec,daudio0,daudiol,daudio2,dmic,spdif.

SRR B TH, B K
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2.15.1 B R

Codec Daudio0 Daudiol Daudio?2 Dmic Spdif
A ) A A ) A
Y Y Y Y Y Y
Mic External Bluetoot Other.. Mic Sound
Speaker Codec h Array Box

K.37: T7 & MAHHE R

2.15.2 BT 4R

T7 %, 6 & ME R e 4 IR K B pll_audio
pll_audio [ L% H 24.576M Bt # 22.5792M By Rt 4, 47| X F 48k R 7|, 44.1k RIIERE T

pll_audio
v
pll_audiox4
v v v l v v ¥
cocdlgzilx i2s0 clock i2s1 clock i2s2 clock dmic clock spdif clock
Y ! ! ! ! Y
audiocodec daudio0 daudiol daudio2 dmic clock spdif clock

2.15.3 AL 45 44

&l 38: T7 Bt 40 R

X RBRTH, BALT
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B

linux-4.9/sound/soc/sunxi/

F—— spdif-utils.c / spdif codec B 7/

F—— sun8iw17-codec.c // codec Bz 5

|-— sun8iw17-codec.h

F—— sun8iw17-sndcodec.c // codec machine 32
F—— sunxi-cpudai.c // codec platform ¥ 5

I-— sunxi-daudio.c // daudio platform™R ]
|—— sunxi-daudio.h

F—— sunxi-dmic.c // dmic platform ¥ 5

I—— sunxi-dmic.h

F—— sunxi-mad.c // 2 #:MADAE % 7 .8 &
|—— sunxi-mad.h

F—— sunxi-pem.c / & i X, £ 4EE Mplatform IR S 68 0 FOAE % E B E
|—— sunxi-pcm.h

F—sunxi_rw_func.c/ B X, EEEWKFFEREED
I—— sunxi_rw_func:h

F—— sunxi-snddaudio.c // daudio machine 3 5
|—— sunxi-spddaudio.h

|—— sunxi-snddmic.c // dmic machine ¥t 5]
|—— sunxi-snddmic.h

F—— sunxi-sndspdif.c // spdif machine 32 5
|—— sunxi-spdif.c // spdif platform 3k 5]

L—— sunxi-spdif.h

0

//.
%

linux-4.9/sound/soc/codecs/dmic.c // dmic codecZX 7
linux-4.9/sound/soc/soc-utils.c // daudio codec3Z 5|

2.15.4 Audiocodec

AR

e 7% DAC

— ¥ 16bit,24bit XM E
— X% 8KHz~192KHz K # %

e — % ADC

— X FF 16bit,24bit KR F
— X ¥ 8KHz~48KHz K # %

o FHBAEN ML :
— — K F  H LINEOUTL,LINEOUTR, X ¥ #3% lineout %y H

SRR B TH, B K 180
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— — % 31k & ¥ H PHONEOUTP,PHONEOUTN

o —HHEHM N MICI,MIC2,MIC3
o ¥ [ AT playback 7 record(2 W T )
e DAC % ADC ¥ % # DRC

2.154.1 NI E

Device Drivers --->
<*> Sound card support --->
<*> Advanced®inux Sound Architecture --->
<*> ALSA for SoC audio support --->
Alwinner SoC Audio support --->
<*> Allwinner Sun8iw17 Codec Support

//.
2

0

2.15.4.2 sys_config fit. &

[sndcodec]
sndcodec used = 0x1

[cpudai]
cpudai_used = 0x1

[codec]
codec_used = 0x1
digital vol = Ox\'ﬂ
lineout_vol =‘0\)x la
miclgain = 0x4

2
(0%
%,

mic2gain = 0x4
mic3gain = 0x0
adcgain = 0x3
adcagc_cfg = 0x0
adcdre_cfg = 0x0
adchpf cfg = 0x0
dacdrc_cfg = 0x0
dachpf cfg = 0x0
pa_ctl level = 0x1
pa_msleep time = 160
gpio-spk = port:PHI<1><1><1><1>

X RBRTH, BALT
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sndcodec fit. &, EF machine I 54 #4 48 % Bt &

sndcodec T2 & sndcodec B & ¥, B
sndcodec_used & & F sndcodec 3. 0: AMEH; 1: A

cpudai B2 &, BN platform IX 4 89 40 K B2 &

cpudai it & cpudai 2 & % BH
cpudai_used & & cpudai Mz, 0: AEA; 1: FA

codec 2 &, BF N E audiocodec IX sy A8 5% Bt &

codec fit. & codec I & 1t #H

codec_used = & AEH codec Wz, 0: FFER; 1: A

digital vol A6 1% digital volume, ] % % & B 0~0x3f, %~ 0~-73.08dB, -1.16dB/step

lineout_vol lineout volume, ¥ 1% & 3% B 0~0x1f, & 7~ -43.5dB~0dB, 1.5dB/step

miclgain micl ¥ 2, ¥ % % E 0~0x7, 0:0dB, 1~7:15~33dB, 3dB/step, — & % & 0x4, B[
24dB

mic2gain mic2 # 35, ¥ % ¥ B 0~0x7, 0:0dB, 1~7:15~33dB, 3dB/step, —#k X & 0x4, EF
24dB

mic3gain mic3 #435, ¥ % % E 0~0x7, 0:0dB, 1~7:15~33dB, 3dB/step, — #% 1% & 0x4, E}
24dB. R fE # aec EIE, N FEXE N 0dB

adcgain adc 3¢ &, ] ¥ E 9% BL0~0x7, & & -4:5~6dB, 1.5dB/step, — f% % E0x3, B 0dB

adcdrc cfg & &4F A adedre. 0:RE A 1: A

adchpf cfg & & 1% A adchpf. 0: 3 F; 1: f&

dacdrc cfg A& & # A dacdre. 0: &R 1: #FA

dachpf cfg A& & 1% | dachpf. 0: 72 AFl; 1: f# A

pa_ctl level PA Gl RE 7 Ko O: RE-FAH; 10 HEFAR

pa_msleep time  #{F PA Z F YL B BT[] (5 # % pop F)

gpio-spk PA £ 825 i
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2.15.4.3 codec %0 #E 18 %
Aegl?2:0] AfeglCls o
C [~ [ |—b-_ DReghin[2
TEJI.; L r‘ls_";&“!.?'ql [T AseglF2:0] A:sﬂjfll;l'ﬂ
MG TEaae [T b APB
LINEINL —————— LHH +
G {1
LINEING ——————— 2
il g
|
ARegaa[E:0]
[T .
i ASeglFi2:0] a“iif»ﬁ' 7
Car] oo |2
[T b
——1 11
mug Il
ARegOE[ED]
AsngF[2:0] i:.s:g:F!Im
5| w|g|g§|« 3 ]
WIITivivEY
S El 2| 2| E T T
[
2 AReg06]1] -\WITJ
s e g — il o Do
PR g r““ iﬂ
et
DRegooaj1)
Aneg[l]
o
PHONEDUTP
PHONEOUTN
Bl 39: T7 & & %
7
Playback --> DACL --> Left Output Mixer --> Left LINEOUT Mux --> LINEOUT
Playback --> DACR --> Right Output Mixer --> Right LINEOUT Mux --> LINEOUT
Playback --> DACL --> Left Output Mixer --> Phone Out Mixer --> SPKPA DRV --> PHONEOUTP --> Phoneout Speaker
Playback --> DACR --> Right Output Mixer --> Phone Out Mixer --> SPKPA DRV --> PHONEOUTN --> Phoneout Speaker
FH
MIC1 --> MIC1 PGA ---> Left Input Mixer --> ADCL --> Capture
MIC2 --> MIC2 PGA ---> Right Input Mixer --> ADCL --> Capture
MIC3 --> MIC3 PGA ---> Xadc Input Mixer --> ADCL --> Capture
T7 iR =0 T &
X RBRTH, BALT 183
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55

T4 o /e A

Phone Out Mixer LOMIX Switch ~ Phone Out Mixer % &, 1# &t 0: KXW 1: 7T B
loutput

Phone Out Mixer MIC1 Switch Phone Out Mixer 1% &, {£ &t 0: XM 1: FF B
MICI1 i

Phone Out Mixer MIC2 Switch Phone Out Mixer % &, 1F gt 0: KXW 1: 7T B
MIC2 3# %

Phone Out Mixer MIC3 Switch Phone Out Mixer 1% &, {# ¢ 0: XH; 1: Fr B
MIC3 i

Phone Out Mixer ROMIX Switch ~ Phone Out Mixer % &, 1# & 0: XM 1: I B
routput

Phoneout Speaker Switch {# §& Phoneout Speaker 0: xH; 1: FF B

ADC gain volume

LINEIN Mixer volume

LINEIN gain volume

LINEOUT volume

Left Input Mixer LINEINL Switch

Left Input Mixer LINEINLR
Switch
Left Input Mixer LOMIX Switch

Left Input Mixer ROMIX Switch

Left Input-Mixer MIC1 Boost
Switch

Left Input Mixer MIC2 Boost
Switch

Left Input Mixer MIC3 Boost
Switch

Left LINEOUT Mux

Left Output Mixer DACL Boost
Switch Left

Left Output Mixer DACR Boost
Switch Left

ADC # 51

Linein mixer volume

Linein gain volume

lineout 5 X &

Left Input Mixer % &, f# &
LINEINL

Left Input Mixer % &, {# f¢
LINEINLR

Left Input Mixer % &,
loutput

Left Input Mixer % &, {# f¢
routput

Left Input Mixer 158 ,
MIC1 i B

Left Input Mixer X &,
MIC2 i#

Left Input Mixer % &, 1# &
MIC3 i# B

Left Lineout Mux % &

Output Mixer % &, 1# & DACL
i B

Output Mixer X &, f# & DACR
i B

0--7, &~ -4.5--6dB
0--7, &~ -4.5--6dB
0--7, &7~ -4.5--6dB
0--31, &~ -43.5--0dB
0: <M 1: FF B

0: X H; 1: FF B

0: XA 1: s
0: KXW 1: 7T /B
0: XM 1: F B
0: XM 1: I B
0: XH; 1: FF B

0:Left OMixer; 1:LR OMixer
0: X H; 1: T B

0: <M 1: FF B

SRR B TH, B K

184

Copyright © 2019 Allwinner Technelogy. All rights reserved.



< Auwiner

e 25
4 o1 /e HE
Left Output Mixer LINEINL Left Output Mixer % &, £ 8 0: X H; 1: B
Boost Switch LINEINL i %
Left Output Mixer LINEINLR Left Output Mixer 1% &, £ 0: <H; 1: FFE
Boost Switch LINEINLR 3# %
Left Output Mixer MIC1 Boost Left Output Mixer 1% &, 1# 8 0: xH; 1: FF B
Switch MIC1 i %
Left Output Mixer MIC2 Boost Left Output Mixer % &, f# & 0: < ;1: FF B
Switch MIC2 i %
Left Output Mixer MIC3 Boost Left Output Mixer % &, 1F & 0: xH; 1: FF B

Switch

MICI1 boost volume

MIC2 boost volume

MIC2 boost volume

MIC1 gain volume

MIC2 gain volume

MIC2 gain volume

Right Input Mixer LINEINLR
Switch

Right Input Mixer LINEINR
Switch

Right Input Mixer LOMIX Switch

Right Input Mixer ROMIX Switch

Right Input Mixer MIC1 Boost
Switch

Right Input Mixer MIC2 Boost
Switch

Right Input Mixer MIC3 Boost
Switch

Right LINEOUT Mux

Right Output Mixer DACL Boost
Switch

MIC3 i #

MICT Boost AMP gain

MIC2 Boost AMP gain

MIC2 Boost AMP gain

MICI1 to L/R output mixer gain
MIC2 to L/R output mixer gain
MIC3 to L/R output mixer gain
Right Input Mixer X &, £
LINEINLR

Right Input Mixer % &, ¥ &k
LINEINR

Right Input Mixer 1% & ,
LOMIX i 5

Right Input Mixer 1% &,
ROMIX i #

Right Input Mixer % &, &
MIC1 i %

Right Input Mixer 1% & ,
MIC2 i#

Right Input Mixer % &,
MIC3 i %

Right Lineout Mux % &

Right Output Mixer % &, £ #¢
DACL # %

0--7, 0:0dB,.1~7:24--42dB
0--7, 0:0dB, 1~7:24--42dB
0--7, 0:0dB, 1~7:24--42dB
0--7, & 7~ -4.5--6dB

0--7, &7~ -4.5--6dB

0--7, &~ -4.5--6dB

0: XM 1: I B

0: X H; 1: T /&
0: K H; 1: JF B
0: < H; 1: I 3
0: X H; 1: I B
0: X H; 1: T B
0: xH; 1: IF B
0:Right OMixer; 1:LR

OMixer
0: <M 1: FF B
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e 25
4 o1 /e HE
Right Output Mixer DACR Boost ~ Right Output Mixer W &, &  0: XH; 1: FF B
Switch DACR i %
Right Output Mixer LINEINR Right Output Mixer X &, #a  0: XH; 1: T B
Boost Switch LINEINR 3 B
Right Output Mixer LINEINLR Right Output Mixer &, &  0: XH; 1: 7T B
Boost Switch LINEINLR i #
Right Output Mixer MIC1 Boost ~ Right Output Mixer % &, #f  0: XH; 1: FF 2
Switch MIC1 # %
Right Output Mixer MIC2 Boost ~ Right Output Mixer % &, #£8  0: X [F; 1: 7T B
Switch MIC?2 i #
Right Output Mixer MIC3'Boost ~ Right Output Mixer % &, #f ~ 0: XH; 1: F 2
Switch MIC3 i %
Xadc Input Mixer LINEINLR Xadc Input Mixer X &, f# &8 0: X H; 1: I B
Switch LINEINLR 3 #
Xadc Input Mixer LOMIX Switch  Xadc Input Mixer % &, {##f 0: xH; 1: FF B
LOMIX #
Xadc Input Mixer ROMIX Switch ~ Xadc Input Mixer % &, 1 & 0: XW; 1: FF B
ROMIX 1
Xadc Input Mixer MIC1 Boost Xadc Input Mixer 1% &, £ 0: xH; 1: FF B
Switch MIC1 i #
Xadc Input Mixer MIC2 Boost Xadc Input Mixer % &, 1F & 0: XH; 1: FF B
Switch MIC?2 i B
Xadc Input Mixer MIC3 Boost Xadc Input Mixer % &, 1# & 0: %< H; 1: FF B
Switch MIC3 i B
digital volume HFmEERE 0--63, & 7~ -73.08--0dB
phoneout volume phone volume % & 0--7, &~ -4.5--6dB
2.15.5 Daudio
B AR
o “HBI2S/PCM, Al Al T B F#E, EHE XK, T HMK;
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o THEMNER

e 3 #F Left-justified,Right-justified,Standar mode 12S,PCM mode
o I HF i2s,pcm WAL E

e X #F mono 1 stereo B R, &y X FF 8 W

o ¥ [ At palyback F7 record(2 W T )

o X# 8~192KHz X H# %

o X 16,24,32bit KM E

o X # 3 % MCLK % i

2.15.5.1 A EZRE

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner Digital Audio Support

2.15.5.2 sys_config I &

[snddaudio0]

snddaudio0_used = 0

daudio_master = 4 &
N \)

audio_forma 5%1

signal_inversion = 1

%

[daudio0]

daudio0 used =0

slot width select =32
pem_lrck period = 128
msb_Isb_first=0
sign_extend = 0
frametype = 0

mclk div=1
tdm_config =1
tx_data_mode =0
rx_data_ mode =0

SRR B TH, B K 187
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snddaudio0 B2 &, EJ daudioO machine X 51 #4 48 % B &

snddaudio it &

snddaudio fit. & i, FH

snddaudio0 used

daudio master

audio_format

signal _inversion

£ % # il snddaudio Xz, 0: FEA; 1:

1: SND_SOC_DAIFMT_CBM_CFM(codec clk & FRM master), Ef
daudio # & /E ¥ slave, codec 1€ # master 2:

SND SOC DAIFMT CBS CFM(codec clk slave & FRM master), —
M F 3: SND SOC DAIFMT CBM_CFS(codec clk master &
frame slave), —# 1~ f 4: SND SOC_DAIFMT CBS_CFS(codec clk
& FRM slave), B daudio # I {E % master, codec 1€ 4 slave

1: SND_SOC DAIFMT I2S(standard i2s format) 2:

SND_SOC DAIFMT RIGHT J(right justfied format) 3:

SND SOC DAIFMT LEFT J(left justfied format) 4:

SND SOC _DAIFMT DSP_A(pcm. MSB is available on 2nd BCLK
rising edge after LRC rising edge) 5:

SND SOC DAIFMT DSP_B(pcm. MSB is available on 1nd BCLK
rising edge after LRC rising edge)

1: SND SOC DAIFMT NB_NF(normal bit clock + frame) 2:

SND SOC DAIFMT NB_IF(normal BCLK + inv FRM) 3:

SND _SOC DAIFMT IB NF(invert BCLK + nor FRM) 4:

SND SOC DAIFMT IB IF(invert BCLK + FRM)

daudio0 Bt &, EF daudioO platform IX 7] ¢ 48 % Bt &

daudio 2 &

daudio fit. & %, #H

daudio0 used
slot width_select
pcm_lrck period
msb_Isb_first
sign_extend
frametype

mclk div

tdm_config

s & A daudio Bzh. 0: AEH; 1: FA

X # 8bit, 16bit, 32bit 7. &

— T B E 16/32/64/128/256 4> belk

0: msb first; 1: Isb first

0: zero pending; 1: sign extend

0: short frame = 1 clock width; 1: long frame = 2 clock width

0: not output(normal setting this);
1/2/4/6/8/12/16/24/32/48/64/96/128/176/192: % 513 codec 12 At 4%,
M #E £ pll_audio/melk_div

0: pcm mode; 1: i2s mode

2 ER BT, BRLR 188
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daudio Bt & daudio Bt & ¥, #H

tx_data mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law
rx_data mode 0: 16bit linear PCM;1: reserved;2: 8bit u-law;3: 8bit a-law

2.15.6 DMIC
B F £

o TS BN
o ¥ ¥ 8 48KHz ¥ B &
o FFr 16/24bit FHHE E

2.15.6.1 NI E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner DMIC Support

2.15.6.2 sys_config fit &

BB 4 T

[dmic]

dmic used =0
[snddmic]
snddmic_used =0

dmic Bt &, B[ platform IX zfj 4 48 < Bt &

X RBRTH, BALT
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dmic Bt & dmic B & 1t 9
dmic_used & & A dmic Bz, 0: AFEH; 1. FA

snddmic B2 &, EF machine X 5/ i 48 < Bt &

snddmic Bt & snddmic . & 1t B
snddmic_used & G A snddmic Bz, 0: AER; 1. FEA

2.15.7 SPDIF

CECE e

e ¥ # S/PDIF OUT #2 S/PDIF IN

e ¥ mono 71 stereo £ 3, (mono # X, T 515 £ H #/1# /& A stereo)

o i H I #F 22.05khz, 24khz, 32khz, 44.1khz, 48khz, 88.2khz, 96khz, 176.4khz, 192khz X £ &
o i \ X #F 44.1KHz,48KHz X £ %

o iy i Futi N X ¢ 16bit,24bit K BEKE E

2.15.7.1 AR E

Device Drivers --->
<*> Sound card support --->
<*> Advanced Linux Sound Architecture --->
<*> ALSA for SoC audio support --->
Allwinner SoC Audio support --->
<*> Allwinner SPDIF Support

2.15.7.2 sys_config It &

SRR B TH, B K 190
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[sndspdif]
sndspdif used =0
[spdif]

spdif used =0

spdif it &, EF platform IXzf ¥ 48 < Bt &

spdif T2 & spdif B2 & % BF |

spdif used £ &AER spdif Bzho 0: AER; 1: FA |

sndspdif B2'& , BN machine X 5/ i 48 A B B

sndspdif Bt & sndspdif B2 & it BH

sndspdif used & & sndspdif Wz, 0: AR 1: A

N S

2.15.8 A7 2 F MM 77 i

REFEENBERE L EAER, REHNRSS

2.15.8.1 # 3k

(\0
i i¥ Speaker & K
amixer -Dhw:audiocodec cset name=
amixer -Dhw:audiocodec cset name="Left Output Mixer DACL Switch' 1
amixer -Dhw:audiocodec cset name='Right Output Mixer DACR Switch' 1
amixer -Dhw:audiocodec cset name='"Phone Out Mixer LOMIX Switch' 1
amixer -Dhw:audiocodec cset name='"Phone Out Mixer ROMIX Switch' 1
amixer -Dhw:audiocodec cset name='"Phoneout Speaker Switch' 1
amixer -Dhw:audiocodec cset name='digital volume' 63
amixer -Dhw:audiocodec cset name='phoneout volume' 4

aplay -Dhw:audiocodec /mnt/UDISK/1KHz 0dB_16000.wav

X RBRTH, BALT
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2.15.82 % &

i 3 MIC1,MIC2 5 | 7 i &

amixer -D hw:audiocodec cset name='Left Input Mixer MIC1 Boost Switch' 1
amixer -D hw:audiocodec cset name='Right Input Mixer MIC2 Boost Switch' 1
amixer -D hw:audiocodec cset name='MIC1 boost volume' 4

amixer -D hw:audiocodec cset name='MIC2 boost volume' 4

arecord -Dhw:audiocodec -f S16_LE -r 16000 -c 2 /tmp/test.wav

2
O///:
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b 2§
I_\_]_z7 N N D ) \\
3. % A TE KR 77
3.1 alsa-utils
PR ALSA T A, v 1 f 2| alsa-lib #r 7 &, —# % F 2|#9F amixer,aplay,arecord %
3.1.1 amixer
amixer =% A2 {THI ALSA = Rz f & T B, FTF 1% E mixer control.
G
o I
7 I Ih &
-D,--device B EEFIKE, Bl {EH default
o F Rl A
oy A I &t
controls P WA E E R BTR B4
contents P A E F R BT R B4 B E R
cget R E EHRIfE R
cset W EEEESHNE
21
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3% Blaudiocodec & + B BT & 1 1 4

amixer -Dhw:audiocodec controls

RRLHEMSFE

amixer -Dhw:audiocodec cget name='"LINEOUT volume'

RELRMEMET 2
amixer -Dhw:audiocodec cget name='"LINEOUT volume' 25

3.1.2 aplay

aplay =& 41T ALSA #= F Wzl ey & m T HE, A FHEA &,

R 77

% I o g¢

-D,--device 16 & B F1% %, BRA# Al default

-1,--list-devices A RN

-t,--file-type 16 A B U AR, 40 voe,wav,raw, 138 E BB LT 4 & 3 B Sk T
fER A

-¢,--channels 35 € 3l 1 2K

-f,--format 36 & R

-1,--rate KR

-d,--duration 5 7 4% K Y B (]

--period-size 18 5€ period size

--buffer-size 35 7 buffer size

W R AT wav P, T UUBEAT KR, RAIEER, RERESH.

H A

aplay -Dhw:audiocodec /mnt/UDISK/test.wav

SRR B TH, B K 194
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3.1.3 arecord

arecord JE i 4-THY ALSA & F a8k & T A, ATREdE.

B 77 %
i I T &t
-D,--device 162 B £k %, BRAE A default
-1,--list-devices ARl D
-t,--file-type 5 R H kM R A& 3, 20 voe,wav,raw, A~ 6 B9 1E LT 2 & s B Sk EE
avil
-c,--channels 16 18 1 4
-f,--format 16 E KB
-1,--rate KR
-d,--duration 36 7 4% R B[]
--period-size 1€ £ period size
--buffer-size & & buffer size
1)

T 55,38 1 4152, KA A 16000, K H 45 E 4 16bit, & F A wav X 1
arecord -Dhw:audiocodec -f S16_LE -r 16000 -c 2 -d 5 /mnt/UDISK/test.wav

3.1.4 alsaconf

alsaconf 75 #J & ALSA configuration file, {# /| alsa-lib T 7 = &, # 1€ pcm, mixer &, & fn#E 4%
& FWEE X, AT 4858 F pem,mixer W &

B 4 21 UL B SO /usr/share/alsa/alsa.conf, X 9 T & — £ hooks
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e
@hooks [
{
func load
files [
{
@func concat
strings [
{ @func datadir }
"/alsa.conf.d/"
]
}
"/etc/asound.conf
"~/.asoundrc"
]
errors false
} O
1 &Q
&
XBRET —METF, FEIEXE XRE
/usr/share/alsa/alsa.conf.d/
/etc/asound.conf
~/.asoundrc
% SR S ] LLIRE defaut &, B E X pem K &alsa S L, AR USE:
https://www.alsa-project.org/alsa-doc/alsa-1lib/conf.html
https://www.alsa-project.org/alsa-doc/alsa-lib/pcm_plugins.html
tina sdk 7 48 % 3 1 @4 1% & /etc/asound.conf, ] LA E 5%
& 77 v
tina #f B 5 T #1T make menuconfig, #£# alsa-conf-aw %X 1 &,
2 SRR, BNL R 196
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.config - Tina Configuration

Tina Configuration
Arrow keys navigate the menu. <Enter> selects submenus ---> (or empty submenus ----). Highlighted letters
are hotkeys. Pressing <¥> includes, <N> excludes, <M> modularizes features. Press <Esc><Esc> to exit, <?>
for Help, </> for Search. Legend: [*] built-in [ ] excluded <M> module < > module capable

Target System (cowbell-ailabs_c2) --->

Target Profile (tina) --->

Target Images --->

Global build settings --->

system init (procd-init) --->
[*] Advanced configuration options (for developers)
[ ] Image configuration --->

Package features --->

Base system --->

Administration --->
|

avs  --->

Cortana --->

Development --->

Firmware --->

Kernel modules --->

Languages --->

Libraries --->

LuCI --->

Minigui ---> . .

timedia ---> &Q\\ 829\
\Q etwork ---> \\(\ \\Q
@\f% - : ] (\\‘>\
< Exit > < Help > < Save > < Load >

ina Configuration
er
Allwinner
Arrow keys navigate the menu. <Enter> selects submenus ---> (or empty submenus ----). Highlighted letters
are hotkeys. Pressing <Y> includes, <N> excludes, <M> modularizes features. Press <Esc><Esc> to exit, <?>
for Help, </> for Search. Legend: [*] built-in [ ] excluded <M> module < > module capable

ALSA UCM for Allwinner --->

Libraries --->

bluetooth --->

btmanager --->

tina_multimedia_demo --->

MtpDaemon..... e e e R e T LN 2 T PRD S emon

adb for Tina Linux

Nuvoton Acoustic Echo Cancellation Demo
ALSA Configuration Files for Allwinner

@ configuration

boot-play..

camerademo. ..

crashfworker...{§?.

crash-worker-test

duer_demo

healthd.... . Battery Daemon for tina linux
1ibAWIspApi sesssssa.. Ccamera VIN ISP api for Allwinner
libaec-xt Nuvoton Acoustic Echo Cancellation Algorithm
liballwinner-base base
liballwinner-ipc liballwinner ipc for tina parrot
libc-bench.... «.... libc-bench from Android L
TibCamapil. i veveensivienenninsnnannssssnnnsssssas Camera api for Allwinner

< Exit > < Help > < Save > < Load >

Kl 41: menuconfig alsa-conf-aw

¥ 4 4 i /etc/asound.conf XX, T E il AL

2 SRR, BNL R
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1% € amixer3% /£ #ydefautl & + ($#./Tsnd_hctl open4 %k BUZ B &)
ctl.!default {
type hw
card audiocodec
}
#% 7 default = £ (# fTsnd_pcm_opens 3k BLZ B &)
pem.!default {
type asym
playback.pcm "PlaybackDmix"
capture.pcm "CaptureDsnoop"
)
B dmixfE ¢, LR AFR, BIXR S RTITFZ FHTEHR
pem.PlaybackDmix {
type plug N
slave.pcm{ ' &Q
type dmix &
ipc_key 1111
ipc_perm 0666
slave {
pem "hw:audiocodec"
rate 48000
channels 2
}
}
)
& FldsnoopfEfr, FUREFEF, BIXKELRITITZE FH#TEE
pem.CaptureDsnoop {
type plug
slave.pcm {
type dsnoop
ipc_key 1111
ipc_perm 0666
slave { 6%{\\
pent-"hw:audiocodec,0" <&
Q@t\e 48000
channels 2
}
}
}
1% A dmix 3 {4 DA B softvolddfF, softvoldd £ 7 LA fir —{>control, A T =& & (B4 LB T)
pem.PlaybackDmix {
type plug
slave.pcm {
type softvol
slave.pcm {
type dmix
X RBRTH, BALT 198
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ipc_key 1111
ipc_perm 0666
slave {

pcm "hw:audiocodec,0"

}
b

control {

}

min_dB -51.0
max_dB 0.0
resolution 256

rate 48000
channels 1

name "Soft Volume Master"

card audiocodec

3.2 tinyalsa-utils

tinyalsa & alsa-lib 89 — A& L. TAREET pem 7 control W EARE T ; KA KE KB HEE.
ThEb. ¥ LAEFE £ A 0, tinyalsa-utils 2 % T tinyalsa W — 2 T B, TEX/LMNE AN TEENH.

3.2.1 tinymix

5 amixer {F £ L, J Fi%1E mixer control

o HJH I

# I T &k
-D,--card i€ B F1% %, BRAE A card0
o W& A

X RBRTH, BALT
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4 it
controls P46 F R BTR B
contents Flhde E F SR TR B ARG R
get RIS R E B E R
set W R EHE
2
% B cardOBy AT A =4 4
tinymix -D 0 controls .
N
I Blcard024w] 14 & & &Q
tinymix <P 0 get 'LINEOUT volume' I\

R Ecard0 L W 1 & &
tinymix -D 0 set 'LINEOUT volume' 25

3.2.2 tinyplay

5 aplay F 2L, F T8 AEZ £ & SLATH K

o &I
#% I ) &b
-D,--card 18 € F Rk &, BRIAE A card0
-p,--period-size 5 /& period A /N, B ALK
-c,--channels 16 € 1 1 41
-1,--rate 6 RAFEE
-b,--bits 5 &R R

0 R = wav U, T DURRAT KT, RAI BB, RERESK

H A
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[ tinyplay -D 0 /tmp/16000-stere-10s.wav

3.2.3 tinycap

5 arecord fE A £, A T#HFE FHATEF 6t

o %P
% I HIRE
-D,--device 35 & B F1% %, BRA#E Al cardO
-p,--period-size 5 & period A /N, ALK i
-¢,--channels 35 7 3 1 2K
-1,--rate o e KX
-b,--bits 5 &R B B

245

e B A2, KA 4 16000, KA AR E A 16bit, (7 77 4 wavX
tinycap -D 0 -b 16 -r 16000 -c 2 /mnt/UDISK/test.wav

3.3 dump & F %4

K AT sunxi FEHEMT sunxi dump Bz, AT EFREFF4H
¥ &L F/sys/class/sunxi_dump H

{82 audiocodec M 5 & &5 B (F &7 LAF 7k, A1 —HA audio Hz #2348 K B AT =,
FHEE ORI T FE, DHEE K.
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3.3.1 dump audiocodec % 77 &

audiocodec Iz Y % 7 & WA T AL T

/sys/devices/platform/soc/codec/audio reg debug/audio reg

T 77 %

i 3T echo 5N\ T4 54

%% 1: 0-read; 1-write

% 4% 2:1-digitar reg; 2-analog reg
2 4% 3: reg value

Z 4 4. write value

2

BERAFFHERA:

cat /sys/devices/platform/soc/codec/audio_reg debug/audio_reg

FTE S T (B 5 ik HOx300LL Ly & A EMF F 5, EMI A KT FFH):
dump audio reg:

SUNXI_DAC_DPC [0x000]: 0x0 Save:0x0
SUNXI_DAC FIFO_CTL [0x010]: 0x3004000 Save:0x0
SUNXI_DAC_FIE® STA [0x014]: OXSO\@C Save:0x0
SUNXI DAC &NT [0x024]: 0xb4014 Save:0x0
SUNXI_DA(S\_ DG [0x028]: 0x0 Save:0x0
SUNXI_ADC_FIFO_CTL [0x030]: 0xe000400 Save:0x0
SUNXI ADC FIFO_STA [0x038]: 0x0 Save:0x0
SUNXI_ADC_CNT [0x044]: 0x0 Save:0x0
SUNXI_ADC_DG [0x04c]: 0x0 Save:0x0
SUNXI DAC DAP_CTL [0x0f0]: 0x0 Save:0x0
SUNXI_ADC_DAP_CTL [0x0£8]: 0x0 Save:0x0
SUNXI_HP_CTL [0x300]: 0x0 Save:0x0
SUNXI MIX DAC_CTL [0x303]: 0x0 Save:0x0
SUNXI_LINEOUT CTLO [0x305]: 0x10 Save:0x0
SUNXI_LINEOUT_CTL1 [0x306]: 0x19 Save:0x0
SUNXI MIC1 CTL [0x307]: 0x34 Save:0x0
SUNXI_MIC2_MIC3_CTL [0x308]: 0x4 Save:0x0

SRR B TH, B K
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SUNXI LADCMIX SRC [0x309]: 0x4 Save:0x0
SUNXI_RADCMIX_ SRC [0x30a]: 0x8 Save:0x0
SUNXI_XADCMIX_SRC [0x30b]: 0x10 Save:0x0
SUNXI ADC_CTL [0x30d]: 0x3 Save:0x0
SUNXI_MBIAS CTL [0x30e]: 0x21 Save:0x0
SUNXI_APT_REG [0x30f]: 0xd6 Save:0x0
SUNXI_OP_BIAS CTLO [0x310]: 0x55 Save:0x0
SUNXI OP BIAS CTLI1 [0x311]: 0x55 Save:0x0
SUNXI_ZC_VOL_CTL [0x312]: 0x2 Save:0x0
SUNXI_BIAS CAL_CTRL [0x315]: 0x0 Save:0x0

BERRN BT THEERA:

echo 0,1,0x10 > /sys/devices/platform/soc/codec/audio_reg debug/audio reg

FTE T

[ 127.036609] sunxi-internal-codec codec: ret:3, reg_group:1, reg offset:16, reg_val:0x0
[ 127.045557] sunxi-internal-codec codec:

[ 127.045557]

[ 127.045557] Reg[0x10] : 0x03004000

[ 127.045557]

F0x 105k F % 17 £ # 8 77003004000

BERNMBENUT FERA:

echo 0,2,0x5 > /sys/devices/platform/soc/codec/audio reg debug/audio reg

TEH T

[ 306.126103] sunxi-internal-codec codec: r@ﬁ, reg_group:2, reg_offset:5, reg val:0x0
[ 306.134971] sunxi-internal-codec codec@%

[306.13497113" \

[ 306.134971ﬁeg[0x05] 1 0x10

[306.134971]

AR 0x05 1 30 3 77 5 B 18 4 0x 10

REXRNETHFF &

echo 1,1,0x24,0 > /sys/devices/platform/soc/codec/audio_reg_debug/audio reg
FA0x244 F % 7 %5 5 40x0
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RE RN EUNFF &

echo 1,2,0x3,0x1 > /sys/devices/platform/soc/codec/audio_reg debug/audio reg

FHOX03E LT F 5 5 A0x1

3.3.2 dump daudio & 7 &

£ % spec F] LA i2s MR A 7 22 A M ut

i250: 0x05090000 X
i2s1: 0x05091000 \%\
i252: 0x05092000 <

A LA 3 sunxi_dump T R EWFFERS, FlinEE 250 9 F F 4

cd /sys/class/sunxi_dump
echo 0x05090000,0x050900a0 > dump
cat dump

3.3.3 dump dmic % 7 &

% spec ¥ DL dmic HE B R M bt

dmic: 0x05095000

B L3 3 sunxi dump 7 5 E 1 F F AR A

cd /sys/class/sunxi_dump
echo 0x05095000,0x05095050 > dump
cat dump
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3.3.4 dump spdif % 77 %

E % spec F] LA4niE spdif 3k HY 5 77 £ A5t bt

spdif: 0x05093000

B DL 3 sunxi dump T8 E 4 spdif F AR A

cd /sys/class/sunxi_dump
echo 0x05093000,0x05093040 > dump
cat dump

2%
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4. R E P RHA

B+ E A alsa-lib FH % F O

4.1 control £ &

AT FERAEV ], alsa-lib 2 % T #4858 0, # 3T control 7 & (/dev/snd/controlCX) =3k B, %
E control elements

TEWREWMED:

snd_ctl open

snd _ctl_elem info get id
snd_ctl elem info set id
snd_ctl elem_info
snd_ctl_ascii_value parse
snd ctl elem read
snd_ctl_elem_write
snd_ctl_close

£ 48 control ¥ 0 it B & & A :
https://www.alsa-project.org/alsa-doc/alsa-lib/control.html

https://www:alsa-project.org/alsa-doc/alsa-lib/group  control.html

TEHAESANEE 2% 0 we F

#include <stdio.h>
#include <stdlib.h>
#include <stdbool.h>
#include <stdint.h>
#include <unistd.h>

#include <string.h>

#include <alsa/asoundlib.h>

#define DEV_NAME "hw:audiocodec"
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#define VOLUME_CONTROL "name='"LINEOUT volume"

/* Fuction to convert from percentage to volume. val = volume */

static int convert volume(int percent, long min, long max)

{

long range = max - min;

if (range == 0)
return O;
return (int)((range * percent / 100) + min);

bool controlVolume(int volume_percent)

{

int err = -1; N
snd_ctl t *handle = NULL; &

i ™
char *card= DEV_NAME; Q

char *volume control = VOLUME CONTROL;
char volume_string[4];
long min, max, raw;

snd_ctl elem_info t *info = NULL;
snd_ctl elem id t *id = NULL;
snd_ctl elem value t *control = NULL;

if (volume percent > 100 || volume_percent < 0)
return false;

snd_ctl elem info alloca(&info);
snd_ctl elem id alloca(&id);

snd_ctl elem_ value_alloca(&control);

err =snd ctl ascii_elem id parse(id, volume control);

if (err < 0) {
fprintf(stderr; ""Wrong control idel&}tﬁ'ler: %s\n", volume_control);
goto f;@ed; \\6
N
} N
err =snd_ctl open(&handle, card, 0);
if (err < 0) {

fprintf(stderr, "Control device %s open error:%s\n", card, snd_strerror(err));
goto failed;

}

snd ctl_elem_info_set id(info, id);

err =snd ctl elem_info(handle, info);

if (err < 0) {
fprintf(stderr, "Cannot find the given element from control %s\n", card);
goto failed;

}

snd_ctl_elem_info get id(info, id);

snd_ctl elem value set id(control, id);

err =snd_ctl elem read(handle, control);

SRR B TH, B K
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if (err <0) {
fprintf(stderr, "Cannot read the given element from control %s\n", card);
goto failed;

}

min = snd_ctl elem_info get min(info);

max =snd_ctl_elem_info_get max(info);

snprintf(volume_string, sizeof(volume_string), "%d", convert_volume(volume_percent, min, max));

/*printf("set volume %s, [You%%]\n", volume_string, volume_percent); */

err =snd ctl ascii_value parse(handle, control, info, volume_string);

if (err <0) {
fprintf(stderr, "Control %s parse error: %s\n", card, snd_strerror(err));
goto failed;

}

err =snd_ctl elem write(handle, control);

if (err < 0) {

fprintf(stdert;. "Control %s write erfor: %s\n", card, snd_strerror(err)); N
goto failed; §\\(\
. &
failed:
if (info)
snd_ctl_elem_info_free(info);
if (id)
snd_ctl elem id_free(id);
if (control)

snd_ctl_elem_value free(control);
if (handle)
snd_ctl_close(handle);

return ((err <0) ? false : true);

42 PCM % o

AT FAEHEAET ], alsa-lib F H 2 T M x# 0, # i pemCXDXp/pemCXDXc T A& (/dev/snd/
pemCXDXx) & ZHH K. K& H k.

TEYRINED:

snd_pcm_open

snd_pem_info
snd_pcm_hw_params_any

snd pcm_hw params_set access
snd_pcm_hw_params_set format
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snd pcm_hw params_set channels

snd pcm hw_params_set rate near

snd pecm_hw_params_set buffer size near
snd pcm_hw_params
snd_pcm_sw_params_current
snd_pcm_sw_params

snd_pcm_readi

snd_pcm_writei

snd_pcm_close

P26 pem ## 0 L 9H E £
https://www alsa-project.org/alsa-doc/alsa-lib/pcm.html
https://www.alsa-project.org/alsa-doc/alsa-lib/group 'p ¢ m.html

¥ 04 F 6| F 7 LL S # aplay,arecord B9 523, X AL H] DLAE alsa-utils F 4% £ (dl/alsa-utils-1.1.0.tar.bz2)
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5. FEALF =3 6

K EFHF R, FEHZ 7 uboot B LT 4 B 3 dma ¥ & M 2 3E # 1= % audiocodec ¥y FIFO #
AT, BEB CPUSREFINRBENAZ. #ANRG)G, EEIEWE AT I F B35k
(W & builtin, A FRLSREF L), XEFIEFRTUAANR, 4 HF —HREFINHER

E ®7 SDK X & % 3 #F uboot JF #L & 4~ 74 &€ ¥y *F & # :R6,R7s,R11,R16,R328,R311,MR 133

BCE MR AR R L, T DA R328 A 1Al #EAT 7 FA

51 BR& 7
1. 7% uboot Bt & T 1

o & EBRILELE configs/sun8iw18pl defconfig ¥4 T & /LI

CONFIG_SOUND_SUNXI SOC_RWFUNC=y
CONFIG_SOUND_SUNXI_SUNSIWI8 CODEC=y
CONFIG_SOUND_SUNXI_BOOT_TONE=y

o 1 F DL iE T kconfig #4T BL & lichee/ brandy-2.0/usboot-2018 E.5& T # 4T make menuconfig
ARCH=sarm, # F xR 26670 & ¥ sun8iwl8 #7 codec JX 31 LA B AL & 4 71 Bk
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.config - U-Boot 2018.05 Configuration
> Device Drivers > Sound support > Allwinner Soc Audio supp
Allwinner Soc Audio support
Arrow keys navigate the menu. <Enter> selects submenus ---> (or empty submenus ----). Highlighted letters
are hotkeys. Pressing <Y> includes, <N> excludes, <M> modularizes features. Press <Esc><Esc> to exit, <?>
for Help, </> for Search. Legend: [*] built-in [ ] excluded <M> module < > module capable

ﬁ* Support sunxi sun8iwl8 audio codec|

[*] Enable boot tone

N S
\i

Q Q
Q &
S \06

< N4
< Exit > < Help > < Save > < Load >

K 42: AL EREEE

2. &2 sys config X B & boottone used % 1, K~ F AL F KR 3h 6k

;boot tone configuration
;boottone used ---boot tone enable
;len_limit ---set size in bytes, normally do not need to set it and driver will use file size

[boottone]

boottone used = 1 Q$\\

O

N

v

<

A4k codec R MFEMELH, THEHN ) EERE

[codec]

codec_used = 0x1

lineout_vol =0x1a

gpio-spk = port:PHI<1><1><1><1>

3. €17 boottone 4 X FF L& RBY E MM FEREAL LS — A4 K+, {4 boottone 4 X, B &
sys_partition.fex >CfF:
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[partition]
name = boottone
size = 2048
downloadfile = "boottone.fex"
user_type = 0x8000

£ 3 2048 &or IM By 1], E R ARYE SEFR F MM A/NEE A Y size
=

K Ja ¥ F A E 44 4 boottone.fex, A M EE F R EEH KT, LA cowbell-perfl 77 % % .

AN

mv kaiji.wav target/allwinner/cowbell-perfl/configs/boottone.fex

4. & env B E X EEH TEJLIT:

uboot_tone addr=0x4327ffd4

boottone partition=boottone
load_boottone=sunxi_flash read ${uboot _tone addr} ${boottone partition}

uboot_tone addr i T35 & & # X fp £ 2| dram B9 #3ik
boottone partition A T8 & F 3 X T £ - X %

load_boottone Jf T # & # X £+ 2| dram &4 4

5. # M #Z audiocodec JE3h 4 & ik 4% 3 make kernel menuconfig % & & JL/NEE &

@@ -702,14 +705,9 @@ CONFIG_SND_SOC_I2C_AND SPI=y

# CONFIG_SND_SOC_WMB8960 is not set

# CONFIG_SND_SOC_WMB8974 is not st

# CONFIG_SND_SOC_WMB8985 is not set
-CONFIG_SND_SUNSIW18 _CODEC=y

# CONFIG_SND_SUNXI_MAD is not set
-CONFIG_SND_SUNXI SOC=y
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-CONFIG_SND_SUNXI_SOC_CPUDAI=y
-CONFIG_SND_SUNXI_SOC_DAUDIO=y
-CONFIG_SND_SUNXI_SOC_RWFUNC=y
-CONFIG_SND_SUNXI_SOC_SUNSIW18_CODEC=y
-CONFIG_SND_SUNXI_SOC_SUNXI_DAUDIO=y
+# CONFIG_SND_SUNXI_SOC_SUNSIW18 CODEC is not set
+# CONFIG_SND_SUNXI_SOC_SUNXI_DAUDIO is not set

# CONFIG_SND SUNXI_SOC_SUNXI _DMIC is not set

# CONFIG_SND SUNXI_SOC_SUNXI_SPDIF is not set

CONFIG_SND_SUPPORT OLD_API=y

make menuconfig 3% /i IX 5] £ 3k Bt &

@@ -2923,7 +2929,7 @@ CONFIG_PACKAGE_kmod-sound-¢ore=y Q
# CONFIG_PACKAGE_ kmod-sound=soc-ac97 is not set
# CONFIG_PACKAGE_kmod-sound-soc-core is not set
# CONFIG_PACKAGE_kmod-sound-via82xx is not set

-# CONFIG_PACKAGE kmod-sunxi-sound is not set

+CONFIG_PACKAGE_kmod-sunxi-sound=y

52 7 BEET;

1. uboot 1B HEf, T RER# dma. R & & £ k4% kenrel Bf = F LML BH &, &N 2| A AZwT
& &Y F T sunxi_dma_exit();

2. WHF A %018 uboot ¥ F M v #H | dram WYL E . E b E kernel ¥ & 6T B F, H E|AR
FNE, FHERERLESR.

o F[LLFE dts F, ¥1ZH W HFL A reserve B, ¥ LLFH K kernel 1~4 1 A 2.
o it il kernel 474511 2 F B 69 N 17 31

3. F[ LLFE uboot 4417 T 4T boottone 44 Z 1T ¥ iR
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6. B F & FMBEFEREFMN

6.1 R328

1. RA—/1 DAC, il EHmAEERFENHE, B LS RENWKEZH. WREE
P8 A KRR, FEARMG L HEE A&, A A alsa i ¢F LI, 7o T @I
Z:

pem.playback {
type plug
slave {
pem "hw:audiocodec,0"
rate 48000
channels 1

alsa M 2K BB RENEEZRA EERN —F (WREBEM W, BEARXNHE, A
REXEARHIT), A —HEENE T,

2. A # ) mic 1F AEC &, T EH % MIC gain R E 4 0dB. tn R ¥ 35, MERBETFASIE
KA & pop & PR PA £ pop &, B4 MIC Bk EMATERIEE, WREL
¥ MIC ¥ a# oA, NaRAHLH pop#)
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7. Declaration

This document is the original work and copyrighted property of Allwinner Technology ( “ Allwinner” ).
Reproduction in whole or in part must obtain the written approval of Allwinner and give clear acknowledge-
ment to the copyright owner. The information furnished by Allwinner is believed to be accurate and reliable.
Allwinner reserves the right to make changes in circuit design and/or specifications at any time without notice.
Allwinner does not assume any responsibility and liability for its use. Nor for any infringements of patents or
other rights of the third parties which may result from its use. No license is granted by implication or otherwise
under any patent or patent rights of Allwinner. This datasheet neither states nor implies warranty of any kind,
including fitness for any particular application.tates nor implies warranty of anykind, including fitness for any

particular application.
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